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Abstract

We consider communication from a single source to a single destination in a wireless
network with fading. Both source and destination have multiple antennas. The
information reaches the destination through a sequence of layers of single-antenna
relays. A non-separation-based strategy is proposed and shown to achieve a rate equal
to the capacity of a point-to-point multiantenna system in the high SNR regime. This
implies that lack of coordination between relay nodes does not reduce the achievable
rate at high SNR. We then derive the tradeoffs between network size and rate. We
also derive the rate-diversity tradeoff for this network and study how it is affected
by the network size. This shows that increasing network size is much more difficult
when the codelength does not span a large number of fading realizations. Finally
some implications to ad-hoc networks are discussed.
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Chapter 1

Introduction

The seminal result by Gupta and Kumar [3] implies that the sum rate of communi-
cation in an ad-hoc wireless network with uniform traffic cannot grow linearly with
the number of nodes in the network. The same result was proved in a more general

communication framework in [4, 5].

Gupta and Kumar also analyzed a strategy of passing the message from source
to destination through a sequence of relay nodes. Each relay node in the sequence
first decodes the message fully and then transmits it to the next relay node in the
sequence (Fig 1-1). This strategy of multi-hop through relay nodes was shown to
be essentially almost optimal. We call such a strategy separation-based, where every
relay node decodes the complete message before transmitting it. Equivalently in a
separation-based strategy, reliable communication is possible to each relay node so
that each relay node can fully decode its received signal. Thus in a separation-based
strategy, the joint problem of communication in the network is separated into two less
complex problems. The first problem is how to create reliable links to the relay nodes
and the second problem is what should be sent over those reliable links. This is the
reason why such a strategy is called separation-based. This definition of separation is
also known as channel-network separation and it should not be confused with other

common connotations of separation, e.g. source-channel separation.

We also know that multiple antennas provide enormous performance gains in



Figure 1-1: Multi-hop through a sequence of relay nodes

wireless systems. In a point-to-point multi-input multi-output (MIMO?!) system with
n transmit and n receive antennas and i.i.d. Rayleigh? flat fading, if the receiver
knows the channel, then the capacity is approximately nlog SNR at high SNR [1, 2].
This result by Telatar and Foschini shows that the capacity of this MIMO channel is
equal to the sum of the capacities of n parallel single antenna channels. Thus we say
that this MIMO channel provides n degrees of freedom to communicate and hence
improves the performance significantly. In general, we say that r degrees of freedom
are achieved if a rate of rlog SNR is achieved.

Applying this MIMO idea in a wireless network with fading has the potential to
achieve performance gains. A particular example for this claim using a single source-
destination pair was given in [6]. There both source and destination use half the
relay nodes. These relays are so close to the source or the destination that they act
as multiple antennas of a single user (see Fig. 1-2). Now this network is like a point-
to-point MIMO system and its capacity grows linearly with the number of antennas.
The idea of making the relay nodes act like multiple antennas was also developed in
[11].

We would like to explore this type of MIMO performance gain in more general
wireless networks. Consider a layered relay network having a single source-destination
pair. Let the message be passed from one layer to the next till it reaches the desti-

nation (Fig. 1-3). In this thesis, we will assume that this layering has been already

"'We reserve the word “MIMO” for point-to-point channels with multiple transmit and multiple
receive antennas.

2This means that all entries of the channel matrix are i.i.d. and circular symmetric complex
Gaussian. We call such a random matrix as a “random Gaussian matrix”, unless specified otherwise.
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Figure 1-2: Relays acting as multi-antenna

done. We will not be concerned about how to divide a general wireless network into
multiple layers and other such issues. Note that the message is now passed through a
sequence of relay layers, as opposed to a sequence of relay nodes (Fig. 1-1). We will
assume that each layer has n single-antenna relay nodes and the source and destina-

tion have n antennas each. Every hop of the message from one layer to its next layer

looks like a MIMO system.

Figure 1-3: Multi-hop through sequence of relay layers

Nevertheless, as we will see later, this transmission between relay layers differs
significantly from a point-to-point MIMO system because relay nodes in a layer are at
different locations. They cannot coordinate with each other to act like a multiantenna

node. This thesis is an attempt to answer the following questions:

How valuable is this coordination between relay nodes?

What is the performance loss if this coordination is lacking?

The next chapter reviews some basic concepts in information theory, which are
used in later chapters. Some aspects of coordination between relay nodes are discussed
in chapter 3. After describing the exact network model, it discusses the case where

only one layer of relay nodes exists between the source and destination. We propose



a strategy which achieves the same rate as the capacity of a point-to-point MIMO
system in the high SNR regime. In other words, in spite of the lack of coordination
between relay nodes, this strategy achieves all the degrees of freedom achievable in a
point-to-point MIMO system.

In chapter 4, we study the general case where the number of relay layers can be
one or more. The strategy for the single layer case fails to achieve all the degrees
of freedom here. A different and surprisingly simple non-separation-based strategy is
able to achieve all the degrees of freedom in this case.

All these results imply that at high SNR, lack of coordination does not reduce
the achievable rate. Nonetheless, the precise meaning of “high SNR” is not made
clear by these results. Chapter 5 addresses this issue. It studies how the achievable
performance is affected if SNR is not high enough. It also sketches the tradeoff of the
achievable rate with an increasing number of relay layers i.e. with increasing network
size.

The results till this point were proved in the ergodic formulation. This formulation
assumes that a transmitted codeword spans a large number of fading blocks i.e. faces
a large number of channel realizations. If it is not possible, we study the outage
formulation in chapter 6. In the outage formulation, we sketch the rate-diversity
tradeoff for this network (like the rate-diversity tradeoff for the point-to-point MIMO
channel found by Zheng and Tse [15]). We also show how this tradeoff gets worse
with increasing network size. In other words, we plot the three dimensional tradeoff
between rate, diversity and network size. It turns out that increasing the network size
is much costlier in the outage formulation than in the ergodic formulation. In other
words, increasing network size is much costlier when the codelength does not span a
large number of fading realizations. Finally in chapter 7, we discuss some extensions
of the derived results. The significance of these results for ad-hoc networks is also

discussed.



Chapter 2

Background

This chapter reviews some pertinent results in information theory and multiantenna

systems.

2.1 Coding Theorem for Point-to-Point Channels

Consider a discrete time communication channel whose input at any given time ¢ € Z
is a continuous-valued random variable x; and whose output is another continuous-
valued random variable y;. We denote the vector of channel inputs [zy,- -, zx]|T
by zV: y"V is defined similarly. The channel behavior is completely described by
the conditional probability density function p(y" = gV|z"V = V) for all sample
values 2V, 4V and all N. If the channel is assumed to be memoryless and stationary,
this decomposes into the product form IIY, p,,(3;:|%;), where p,,(§|Z) denotes the
stationary conditional pdf of the channel evaluated at = and gy, which are sample
values or realizations of x and y. The channel is completely described by py,(7|Z) in
this case. Let the set of all possible §y and & be denoted by 2. For example, €2 can
be the real line or the complex plane.

The mutual information for this channel for a given input pdf p,(.) is defined as’

//pyw ; py;;((?))d di (2.1)

IThe log function is assumed to have base 2 unless stated otherwise.




This can be also written in terms of differential entropies. The differential entropies

are defined as follows:

_ L
h(y) = /Q py(y)logpy(g) dj
h(z) = /pr(i') lngm(lj) dz

.. 1 o
h(y,z) = /Q/prx(y,x)logm dz dy

In a similar manner, the conditional differential entropies are defined as

- 1 o
i) = [ /prx<y,x>logpy|$@m 4j di

N i~ 1 o
— /Qpl,(a:) {/prx(y]x) log o (18) dy| dx
= & [h(yl(z = 7))

Similarly, h(x|y) is defined. Then, Z(x;y) = Z(y; z) = h(y) — h(y|z). We now define
the mutual information between two random variables x and y conditioned on a third

random variable z as

I(z;ylz) = hlylz) = h(ylr,z) = & [h(yl(z = 2)) = h(yl(z = 2),2)]  (22)
= & L(z;yl(z = 2))] (2.3)

Note that for a given channel py|,(.].), the mutual information Z(x;y) is fixed for each

input pdf p,(.). Now define the channel capacity in bits per channel use as follows

¢ = max I(y;w) = mas [h(y) = h(ylz)] (2.4)

In his monumental work [12], Shannon showed that channel capacity defined as above
is the long term maximum number of bits per channel use that can be transmitted

reliably in the sense that the probability of decoding error can be made arbitrarily



small. However the codewords may need to be very long to achieve an arbitrarily
small probability of decoding error. Reliable communication is not possible at any
rate R > C. To be precise, for any R > C, there is some ¢(R) > 0 such that the
probability of decoding error cannot be made smaller than ¢(R) for any code of any

length of rate R.

We explain the above results with the example of additive white gaussian noise

(AWGN) channel. The destination receives
y=z+w

where z is the channel input and w is Gaussian noise with variance o2, ii.d. over

time. The transmitter has an average power constraint £ [z?] < P. Thus py,(y|z) is

given by \/2;02 exp(_(g;m & ). We can choose any p,(z) satisfying the power constraint

and generate a valid random code. For any input pdf p,(x), the conditional entropy

h(y|z) is simply the (differential) entropy of the Gaussian noise given by,
1 2
h(y|z) = h(w) = §log(27rea )

Thus maximizing Z(z;y) reduces to maximizing h(y). As the noise w is independent

of the input x, the power in y is
£[7] = €[] + £ [u?] < P+ o?

If x is chosen to be a zero mean Gaussian random variable with variance P, then y
is a zero mean Gaussian random variable with variance P + o2?. The Gaussian pdf
maximizes the differential entropy under a power constraint. Hence the maximum
possible h(y) is equal to h(y) = %log (2me(P + 0?)). Thus capacity of this AWGN
channel is achieved by the Gaussian input distribution with variance P. It is given

by
1 1
Cawen = 3 log(1+ P/o?) = 5 log(1 + SNR)

7



where SNR is defined as the signal to noise power ratio P/o?. Similarly we can prove
that the capacity of a complex AWGN channel is equal to log(14+SNR) since a complex
AWGN channel is equivalent to two real AWGN channels.

2.2 Multiantenna Systems

2.2.1 Capacity Results

Multiple antennas at source and/or destination can provide significant performance
gains. Consider the following MIMO channel in a fading environment, where the

transmitted vector x € C™ is related to the received vector y € C" as follows:
y =Hx+w (2.5)

where H, which denotes the fading state is an n X m matrix with i.i.d. complex
Gaussian entries with unit variance. It is independent of the input and the noise
w. Each entry of the additive noise w is a zero mean complex Gaussian random

variable with variance o2

, 1.e. its real and imaginary parts are real Gaussian variables
of variance 0?/2 independent of each other. Moreover, we assume that entries of this
vector are independent of each other so that? &£ [WWT] = ¢2]. The input has a total

power constraint given by & [trace(xx')] < P.

We assume an i.i.d. block fading model for H. This fading model means that the
channel state H remains constant during a block of T,. symbols and changes to a new
independent realization in the next block. Each such block of length T, is called the
fading block and T, is usually called the coherence interval. The receiver is assumed
to know H (i.e. the realization of this random matrix), but the transmitter does not

know the channel. Thus in effect the output of this system at the receiver is (y, H).

2The symbol I is reserved for identity matrices, whose size will be clear by the context.



The mutual information between the input and output is:

Z(x;(y,H)) = Z(x;H) + Z(x;yH)

= 0+Z(x;y|H)

— & [z(x;y|(H - H))] from Eq. 2.2 (2.6)

As in the AWGN case, h(w) is independent of the input distribution. It equals

nlog(meo?) for any H. Hence to maximize the mutual information, we simply maxi-

mize € [h(ym - Fl)} = h(y[H).

Now we prove that it is maximized by the complex (jointly) Gaussian distribution
of x satisfying £ [XXT} = 5[ . Let the covariance matrix of the input x be denoted

by K,.. Then the covariance matrix of the output is given by

& lyy'H = A = REH + 01
For a given value of the covariance matrix above, the entropy h(y|H = I:I) is maximized
when y is a jointly Gaussian random vector with that covariance matrix. Choosing
x to be a jointly Gaussian will cause y also to be jointly Gaussian (conditioned on
the channel realization). Now remains the search of the optimal K, that maximizes
h(y|H). Let the eigenvalue decomposition of K,, be UDU?T. The differential entropy
of a complex Gaussian vector with covariance matrix @ is given by logdet(me@),

hence

h(y|H) = & [logdet(me(HK H + 0°1))]
= &y [logdet (me - (HU)D(HU)" + 0%1))]

Note that distribution of HU is same as that of H for any unitary matrix U. Hence

9



our search for optimal K, can be limited to non-negative diagonal matrices satisfying
the power constraint i.e. whose trace equals P. Given any diagonal input covariance
matrix D; and a permutation matrix II, A(y) is unchanged if the input covariance
matrix is changed to ILDIIT. It is because HII has the same distribution as that of
H. Now applying the concavity of logdet(-) function on the set of positive definite
matrices, we get the optimal K., by averaging all the permutations of a diagonal
matrix satisfying the power constraint. Hence the optimal input distribution is jointly

Gaussian with covariance matrix %I )

Intuitively, distributing the power uniformly in all directions is optimal because
the transmitter does not know the channel H, so all the directions are equally good.

Now by Eq. 2.6, we get the following expression for capacity of this MIMO channel

[1]
P
Cyvmvio = Ew {logdet (I+ —QHHT>] (2.7)
mo

= ) & [log (1+SNRAM)] (2.8)

i=1
where A\ is the ith smallest eigenvalue of HHT and SNR 2 P/mc? is the ratio of
aggregate power transmitted by the transmit antennas to the aggregate noise power.
Note that many outputs (y,H) and thus many channel realizations are needed for
achieving this capacity reliably. More precisely, for any R < Cyvmvo and any given
e > 0, the error probability can be made smaller than € if the codelength spans a

large enough number of channel realizations.

Compare this with the AWGN case, where one needed to code over many noise
realizations. Essentially, it ensured correct decoding even if the noise in some part of
the codeword is large. Intuitively, a codeword could be decoded correctly by virtue
of its part where the distortion by the channel (noise) is small. In the case of fading
channels, there are two possible causes of distortion by the channel: fading and noise.
By having long enough codelength, the effects of the additive noise are averaged out

as in the case of AWGN channel. Moreover, coding over many fading realizations

10



essentially ensures that some part of the codeword sees good channel gains. This
enables correct decoding even if some parts of the codeword see bad channel gains.
This capacity is called the ergodic capacity to emphasize the need to code over many

fading realizations.

The case of SNR > 1, where signal power is much larger than noise power, is
called the high SNR scenario. Consider the case m = n, where the transmitter has

the same number of antennas as the receiver.

Cyvimnvio . log(SNR - )\?)
> A Sl 2
logSNR  ~ D& [ log SNR

R log AH
- ;SH ll lgSNR}
En [log det(HH)]
Jog SNR

:n+

Note that det(HHT) equals —oo when HHT is a singular matrix. However, this is a
zero probability event. It turns out that &y [log det(HHT)] equals a finite number
[22]. This is easily verified by noting that det(HHT) = [[, A; is lower bounded by
Al . Given that A, is exponentially distributed, & [log Amin] is a finite number,
which explains the finiteness of £ [log det(HHT)] . Hence the second term in the above
equation becomes negligible when SNR is very large and the above lower bound for

Cyvo equals n when SNR tends to infinity. Similarly, we upper bound Cyinvio when

SNR is large.

Cymio z”:g log(SNR 4 SNRAH)
logSNR = H log SNR

B Zg log (1+ A
B 4 log SNR

nén [log (1 4 trace(HHT))]

< log SNR as any \; < ; )\, = trace(HHT)
log (Ex |1+t HHT

< n+ nlog (€ [logSI\rl:CQ( ))) ( Jensen’s inequality)
log(1 2

= n+ % as £ [trace(HHT)} equals n?

11



The numerator of the second term is a finite number, so the second term becomes
negligible when SNR is very large. Thus the upper bound also equals n when SNR
tends to infinity. Hence the ratio of Cymvo to log SNR is almost n when SNR is
large. Thus the ergodic capacity at high SNR equals nlog SNR + ((SNR), where
((SNR) <« nlog SNR. The < sign here denotes that the ratio of the two sides goes to
zero when SNR tends to infinity. We will also use the notation Cymo ~ nlog SNR,
where the ~ sign means that the ratio of the sides goes to 1 as SNR goes to infinity.
In words, we will say that the capacity of a MIMO channel is approximately nlog SNR
at high SNR.

Notice that the capacity of a scalar fading channel (i.e. single transmit and receive
antenna) is Cgiso = log SNR. The same is true for the capacity of a complex AWGN
channel. Thus at high SNR, having n transmit and n receive antennas is equivalent to
having n separate single antenna channels. Thus a MIMO system provides n dimen-
sions in space for communication. Hence in MIMO, n degrees of freedom are said to
be achieved. In general with m transmit and n receive antennas, min(m,n) degrees
of freedom can be achieved. This is because n — min(m, n) (out of n) eigenvalues of

HHT (in Eq. 2.8) are zero when H is a rectangular matrix.

Cyivo ~ min(m, n)log SNR (2.9)

One should note that a code achieving all the min(m, n) degrees of freedom need not
be a capacity achieving code. For example, consider a scalar AWGN channel with
SNR > 1. Consider a code which uses only half the available power. The maximum
achievable rate of this code is log(1+SNR/2). Due to the 3dB power loss, this code is
clearly not a capacity achieving code. However, it achieves all the degrees of freedom
because log(1 + SNR/2) ~ log SNR. This example illustrates the coarseness in the

measure of degrees of freedom.

Remark: Fading is caused when the signal from the transmitter reaches to the
receiver via multiple paths. The constructive and destructive interference between

those paths causes the fading. It is worth mentioning that only 1 degree of freedom

12



could be achieved if fading was absent. That is the case when only a single line of
sight path exists between each transmitter and receiver antenna. In that case, HH is
always singular. All but one of its eigenvalues are zero. Somewhat surprisingly, this
means that randomness or fading in the channel can be advantageous as it provides
multiple degrees of freedom.

A capacity achieving code spanning L fading blocks of length T, each (i.e. code-
length LT.) has 2L7eCymio different codewords. For large LT, this may lead to im-
practically large computational complexity. Even when the computational complexity
is not an issue, coding over large number of fading blocks increases the delay. This is
especially prominent when 7, is large. Thus achieving ergodic capacity is difficult in
practice.

As a small digression, let us see another way to achieve ergodic capacity when
the transmitter has some information about the channel state. Assume that the
transmitter knows the rate to be transmitted in each fading block, which is equal to
C(H) = log(det(I + SNR - HHT)). However it does not know the exact realization of
the channel state H.

The communication is done in following manner. Suppose that the transmitter
has a different code-book for each rate R > 0 and these code-books are known to the

receiver®

. At the beginning of every fading block, the transmitter has a codeword
ready for each rate. After knowing C'(H), it starts transmitting the codeword of that
rate. At the receiver, the channel state is known. Hence the rate of the transmitted
codeword and its corresponding code-book is also known. The receiver selects one
codeword from this code-book by performing ML decoding on the received signal.
Note that the codelength for each rate need not be limited within a fading block. A
codeword corresponding to a given rate R can be transmitted in multiple pieces, one
piece at each interval when the channel state satisfies C'(H) = R.

In this scheme, an average rate of &y [C'(H)] = Cymvo is achieved by choosing long

enough codewords and by adjusting the transmission rate in each fading block. Sur-

3This requires an infinite number of such code-books. In practice, we use code-books for a large
number of rates and essentially achieve the same performance as having code-books for all possible
rates.

13



prisingly, the capacity when the transmitter has some information about the channel
state (in terms of C'(H)) is the same as the capacity when the transmitter has no

information about the channel state.

2.2.2 Outage Formulation

We have seen how achieving ergodic capacity is difficult as the codelength needs to
span many fading blocks to achieve the ergodic capacity. It may cause large delay
and might become infeasible in practice. Hence we need to study the performance of
a code which only spans a finite number of fading blocks. In particular, we analyze
the performance of codes which span only one fading block. These are defined as
“short codes”. As shown later, this analysis easily extends to the analysis of codes
which span L fading blocks.

To analyze the error probability of these short codes, consider the following non-
ergodic channel model for a moment. The channel H is a random Gaussian matrix
but it is fixed for all time once chosen. As before, the receiver knows the realization
of H but the transmitter does not. Any codeword (of arbitrary length) will face only
one channel realization in this model. Conditioned on the channel realization H, the
capacity is

C(H) = log(det(I + SNR - HH"))

Let us see what is the channel capacity under this non-ergodic fading model. In other
words, let us find the maximum rate R for which the error probability can be made
arbitrarily small. For any fixed rate R > 0, consider the set of all channel realizations
which satisfy C'(H) <R. An outage event is said to occur when the channel realization
belongs to this set. The probability of this event is called the outage probability at
rate R.

Pour(R) = Pr(C(H) <R) (2.10)
= Pr(log (det (I + SNR - HH)) < R) (2.11)
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For any R > 0, this probability P, is a strictly positive number. Recall Shannon’s
coding theorem, which says that the error probability for any code of any length
with rate R greater than the channel capacity C'(H) cannot be smaller than some
¢(R,H) > 0. For any code of any length having rate R > 0, we can lower bound the

probability of decoding error as follows:

P

P,y - P(error|outage) + P(no outage) - P(decoding error|no outage)

v

Pyt - P(error|outage)

v

P,y - min €(R,H)
C(H)<R

1>

Pout * €min

Thus the probability of error cannot be made arbitrarily small for any R > 0 and
hence the capacity of this channel is 0. This lower bound for non-ergodic channel
also gives an lower bound to the error probability of short codes in our block fading
model.

Now we upper bound the error probability of short codes in our block fading model
assuming high SNR. We assume that each codeword is within one fading block and
length of each fading block T > 2n—1. An upper bound on the minimum probability

of error is given by the probability of error for a random Gaussian code.

P. = P,y - P(error|outage) + P(no outage) - P(decoding error|no outage)

IN

Pyu - 1+ 1 P(decoding error|no outage)

< (148 P

Thus P, is bounded as  €pin Pout < Pr < (14 0") Py (2.12)

The last step for the upper bound followed from [15]. They showed that if T, > 2n—1
and the SNR is high enough, P(decoding error|no outage) of a randomly generated
Gaussian code is essentially upper bounded by ¢'P,,; for some ¢’ > 0. From the

lower and upper bounds above, we see that P, is a good approximation to the error
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probability of short codes up to a fixed multiplicative factor. Moreover, P,y is usually

easier to calculate than the exact error probability.

It is easy to see that the outage probability goes to zero as the SNR goes to infinity.

In this case, using Eq. 2.12 we can say that,

, log P.(SNR) , log Pyut(SNR)
lim ————— = lim ————~
SNR—o0 log SNR SNR—o0 log SNR

The above limit always exists and is defined as the diversity d. Now following the

same notation in [15], we use f(SNR) = ¢g(SNR) as a shorthand for

log(f(SNR)) . log(g(SNR))
N TIogSNR . sui  log SNR

Thus in this notation, for short codes P.(SNR) = P, (SNR) = SNR™®. The outage
and error probability are not exactly equal to each other, but their SNR exponents
are the same. Thus essentially all of the decoding errors are caused by outage events,

which have a probability on the order of SNR™%.

We saw how at high SNR, the capacity of an n x n MIMO system can be approxi-
mated as nlog SNR due to multiple spatial channels. Thus the MIMO system can be
used to provide higher data rate as compared to a single antenna system. In addition
to high rate, the MIMO system available can be used to improve reliability i.e. error
probability or outage probability. Tarokh et al showed that for any fixed rate R > 0,
the error probability P, of a short code as a function of SNR is given by,

P.(SNR) = SNR™"

Comparing this with the error probability for single antenna channel (P, = SNR™)
demonstrates the improvement in reliability due to multiple antennas. Thus a MIMO
system can provide a diversity gain of d = n?. One may wonder whether a MIMO

system can simultaneously provide gains in reliability and data rate.

The difficulty in studying this is that for any fixed (and arbitrarily small) e > 0
error probability, all the n degrees of freedom i.e. the MIMO capacity can be achieved.
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On the other hand, n? diversity can be achieved for any fixed (and however large)
rate R > 0. Given these two extremes, it is difficult to see how the data rate and

reliability interact with each other.

To get the complete picture of the interaction between reliability and rate, we
should let the rate R grow to infinity with SNR instead of fixing it. How fast the
probability of error decays with SNR when the rate is also growing with SNR? What
is the achievable diversity if a fraction of the capacity is to be achieved i.e. a fraction
of the n available degrees of freedom are to be achieved? Hence let the rate R grow
with SNR as R(SNR) = rlog SNR for some fixed number 0 < r < n. This is a fraction
- of the capacity at high SNR. This rate is equivalent to having r separate single

antenna channels, so we say that r degrees of freedom are to be achieved. We can

define the degrees of freedom achieved as

R(SNR)

"7 sNRboo log SNR

(2.13)

Observe that for a fixed value of R (however large), only 0 degrees of freedom are

achieved because R becomes a negligible fraction of the total capacity for large enough

SNR.

Zheng and Tse [15] found the tradeoff between the error probability and rate for
short codes. In other words, they found the maximum achievable diversity if » degrees
of freedom are to be used. This optimal diversity d*(r) at r degrees of freedom is
given by the piecewise linear function connecting the points (k, (n —k)?),k =0, - - n.
For example, fig. 2-1 shows this tradeoff when n = 3. In our notation, the optimal
rate-diversity tradeoff means that the achievable error probability of a short code of
rate R ~ rlogSNR is equal to P. = SNR™® ). Note that for any r < n degrees of
freedom, strictly positive diversity is achieved. Thus although each codeword spans
only a single channel realization, essentially all the n degrees of freedom can still be

achieved.

The rate-diversity tradeoff shows that gains in rate and reliability can be achieved

simultaneously in a MIMO system but there is a certain tradeoff between these two
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Figure 2-1: Optimal rate-diversity tradeoff for n = 3

gains. It also shows that any r < n degrees of freedom (which were achievable in
the ergodic formulation) can be achieved with positive diversity even though the
codewords are limited to one fading block. It means that the error probability can be
driven to zero by pushing the SNR to infinity. It appears as if there is no performance
loss due to constraining the codewords within a single fading block. However, the
caveat is that the error probability cannot be made arbitrarily small for a given SNR
when the codewords span a single fading block. This is in contrast with the ergodic
case.

Now consider the case when the codelength spans L fading blocks. If the coherence
interval T, satisfies T, > 2n — 1, the error probability when r degrees of freedom are
achieved is given in [15] as P, = SNR™L4' (") = (SNR=¥"(")Z This is because an error
happens essentially when all the L fading blocks are in outage. Thus it is sufficient
to study the rate-diversity tradeoff for short codes (L =1 case).

To summarize, we discussed the outage formulation and rate-diversity tradeoff in
this section. More importantly, we discussed a type of asymptotic analysis which is

useful later in this thesis.
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Chapter 3

Issue of Coordination

The performance gains achievable in a point-to-point MIMO channel were discussed
in the previous chapter. Can we also achieve these gains in the network scenario?
We explore the problem of a single source communicating to a single destination in a
network over multiple hops, where each hop starts from and/or reaches to a group of
relay nodes. This will shed some light on the effect of lack of coordination between
the relay nodes. We consider the following simplified model to gain some insight into

this general problem.

3.1 Network Model

,_
.
—

w

O O O O
O O O O
O O O O
O O O O

—

=
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|

(e} (o) (¢} o
o o (¢} 0
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n Nodes (or antennas) in each layer

Figure 3-1: Network structure

The network under consideration has a single information source s with n transmit

19



antennas and its final destination d also has n receive antennas (see Fig. 3-1). There
are k layers of relay nodes between s and d, with each layer having n relay nodes!.
Each relay node has a single antenna which can transmit and receive simultaneously.
We denote the m’th layer of relay nodes by L,, and let Ly denote the layer of the
transmit-antennas of s. Similarly, let Ly, denote the layer of the receive antennas
at d. Each layer can only receive transmissions from its previous layer. Interference
from all other layers is ignored which is in contrast with the existing network models
(e.g. Gupta-Kumar model in [3],[4]). In our model, transmission from every layer to
the next looks very much like a MIMO system, with the only difference being the lack
of coordination between the relay nodes in a layer. As the relay nodes in a layer are
at different locations, they cannot coordinate fully with each other to act like a single
multiantenna node. Thus this oversimplified assumption (of ignoring the interference
from other layers) allows us to study in isolation the value of coordination between
relay nodes. Thus the complete network state is fully characterized by k + 1 channel
matrices denoting the channels between adjacent layers. Let matrix H,, denote the
channel between layer m and m + 1, i.e. H,,(¢,7) is the value of the channel gain
between the i’th node (or antenna) in L,,+; and the j'th relay node (or antenna) in
Ly,.

We assume an i.i.d. block fading model for each H,,. The block fading model
means that the channel state remains constant during a block of 7. symbols and
changes to a new independent realization after that. We also assume that the co-
herence interval 7, > 2n — 1, which ensures that the error probability and outage
probability have the same SNR exponent i.e. P.(SNR) = P,,(SNR) [15]. Each H,,
is assumed to be known at the final destination d. The source need not know the
channel realizations. Each H,, is assumed to be independent of all others. All entries
of each H,, are i.i.d. complex Gaussian variables with variance 1.

In our discrete-time model, X,,,;, Ym; and w,,,; denote (respectively) the transmitted
signal, the received signal and the noise at the ¢'th relay node (or antenna) in the

m’th layer. Let X, = [Xm1, Xm2, --Xmn|? denote the transmitted vector by the m’th

'We assume that this layering of the network has been already done.

20



layer; y,, and w,, are defined similarly. For 0 < m < k we have,
Ym+1 = H,x,, + Wi+1 (31)

Each w,,; is a stationary white complex Gaussian process with variance o2. Moreover,
each w,,; is independent of the input signal and of each other. Each of the relay nodes

or antennas? has an average power constraint,
Ellxmll’] <P 1<i<n0<m<k (3.2)

The SNR 2 P/o? is assumed to be very large. This is the ratio of the transmitted
power of an individual relay node (or antenna) to the noise power, as opposed to the

usual definition, which is the ratio of received signal power to noise power.

3.2 Single Layer Case

We saw that although the transmission from one relay layer to the next (in Fig. 1-3
or 3-1) looks like a MIMO system, it has an important difference with respect to
a point-to-point MIMO system. The n transmit antennas can fully coordinate in a
multiantenna transmitter. Similarly, a multiantenna receiver can decode based on the
signals received at all of its n antennas. This is not the case in this wireless network (in
Fig. 1-3 or 3-1) because the n relays in a layer are at different locations. How crucial
is this coordination amongst relays for achieving all the degrees of freedom? We first
review the problems of multiple access and broadcast to shed some light on this issue.
For the multiple access to a multiantenna receiver, the coordination between the
transmit antennas of a MIMO system is removed but the receive antennas can fully
coordinate. On the other hand, for the broadcast from a multiantenna transmitter,
the coordination between the receive antennas of a MIMO system is removed but the

transmit antennas can fully coordinate.

2This simplifying assumption means the total available power at the source node s is nP. The
achievable degrees of freedom are unchanged even if the total power at s is just P because we are
assuming the SNR is very high.
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Figure 3-2: Value of coordination: (a)Broadcast (b)Multi-access

3.2.1 Multiple Access to a Multiantenna Receiver

There are n different transmitter nodes and each has a single antenna with power
P/n. Each node wants to send separate information to a multiantenna destination
node with n antennas (Fig. 3-2(b)). The channel equation here is the same as the
point-to-point MIMO channel,

y = Hx +w.

The only difference here is that the transmit antennas are now connected to separate
nodes. Hence each antenna i chooses its codeword x;(m;) based on the separate
message m; it wants to transmit. These messages are uniformly chosen from 1 <
m; < M, where M is the number of possible messages. The messages mq---m,
chosen and hence the codewords transmitted by different transmitters are independent
of each other. Note the subtle difference from the point-to-point MIMO case, where
the space-time code was constructed by choosing Gaussian symbols independently
for each antenna. In that case, the codewords for all the transmit antennas are
simultaneously decided by the overall message to be transmitted.

VBLAST [10] is a code originally developed for point-to-point MIMO. It decom-
poses the original data into n separate parts and allocates each part to one of the
n antennas. Thus each antenna has a separate message to send. Hence, VBLAST
can also be implemented in multiple access of a multiantenna receiver. It is known
that all the degrees of freedom can be achieved by VBLAST. To see this, consider a

suboptimal version of VBLAST, where the codeword from each antenna is decoded by
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projecting the received vector into a subspace free of interference from other transmit
antennas. Thus the given vector channel of dimension n is converted to n parallel
scalar channels, where the input of the ¢’th parallel channel is the same as the input
of the 7’th antenna

y: = hix; + w; 1<i<n

If the minimum singular value® of the vector channel H is o, , none of the n parallel

scalar channels can be weaker than oy, i.e. |hi| > o, for 1 < i < n. Hence the sum

rate achieved by VBLAST is

R = ig[log(lJr\h{PSNR)}

=1

> ) € [log(1+ 02, SNR)]

=1

We know that o2, is an exponential random variable with unit mean [22] as the
entries of H are i.i.d. complex Gaussian with variance 1. Hence at high SNR, the
RHS above is approximately nlog SNR in the sense explained before (after Eq. 2.9).
Hence the LHS is lower bounded by nlog SNR and all the degrees of freedom can be

achieved in this multiple access channel by VBLAST.

3.2.2 Broadcast from a Multiantenna Transmitter

Consider n different users, each having a single receive antenna (Fig. 3-2(a)). Each
user wants to receive distinct information from a multiantenna source node with n
antennas and total power P. The channel equation is the same as the point-to-point
MIMO channel. The difference is that, the different n receive antennas are now
connected to separate users. Thus each user has to decode based only on its own

received signals.

3Singular Value Decomposition: Any complex matrix H can be decomposed as H = ULV,
where ¥ = diag(o,,---,01) is a diagonal matrices with all non-negative entries. Each o; is called
a singular value of H. U and V are complex unitary matrices. Note that squares of the singular
values of H are the eigenvalues of HH'. A matrix is called singular when (at least) one of its singular
values is zero. Similarly, a matrix is called near-singular when (at least) one of its singular values is
near-zero.
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Assume that the transmitter knows the channel state H. Let signal u; be intended
for user 1 < i < nie u=[u-- -un]T is to be sent to the users. The transmitter
transmits x = ¢ H1u, where c is a fixed number chosen to satisfy the transmit power
constraint. Then the received vector is cu 4+ w, so the signal received by each user ¢
(i.e. cu; +w;) is free of interference. We have converted this vector broadcast channel
into n parallel (complex) AWGN channels, each providing 1 degree of freedom.

Care needs to be taken though: the transmitter should be shut off when H is
near-singular. Otherwise the transmitter will need infinite power for implementing
this channel inversion strategy. To be precise, we will shut off the transmitter when
the smallest eigenvalue of HH' is smaller than some sufficiently small € > 0. However,
this only happens with probability e for small values of €. It is because the smallest
eigenvalue of HH' has an exponential distribution with mean 1 [20]. As all the n
degrees of freedom are achieved when the transmitter is not shut off, n(1 — €) degrees
of freedom are achieved on average at SNR going to infinity. Thus almost all the
n degrees of freedom can be achieved by choosing € small enough. This strategy of
pre-inverting the channel is essentially sending information to the receivers in non-

interfering beams, hence we call it a “beamforming” strategy?.

3.2.3 Combining Beamforming and VBLAST

We saw that removing coordination at any one side of a MIMO system does not
reduce the total achievable degrees of freedom. For multiple access, VBLAST can
be used. Similarly for broadcast, beamforming can be performed if the transmitter
knows the channel state. Are these the only two network structures where lack of
coordination does not prevent achieving all the degrees of freedom or we can claim
the same for a larger class of networks?

Now we simply combine the two strategies for broadcast and multiple access (Fig.
3-3). The source splits its data into n equal rate sub-streams. These sub-streams
are beamformed to individual relay nodes simultaneously. Then each relay node

decodes the sub-stream beamformed towards it, and retransmits the message to the

4Refer to [7, 8, 9] for a detailed analysis.
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destination through the multiple access channel.

Figure 3-3: Combining beamforming with VBLAST

As seen before, beamforming ensures that there is no interference between the n
data-streams, so it enables the source to transmit information reliably at a rate of
approximately log SNR to each of the relays. Similarly, as the destination is assumed
to know the channel state, it can reliably decode each of the n data-streams of data

rate log SNR from each relay. Hence we get the following lemma.

Lemma 1 All the n degrees of freedom can be achieved when only one relay layer

exists between the multiantenna source and destination.

Note that multiple antennas at the source and destination made it possible to have
multiple spatial channels between them. Only one such spatial channel is available if
the source and destination have only one antenna on them (as in the Gupta-Kumar
and Xie-Kumar models [3, 6]). This is another significant difference between our
network model and other network models.

Lemma 1 can be easily extended to the network in Fig. 3-4. It has nodes with

Relay layer 1 Relay layer 2 Relay layer 3 Relay layer 4
o o o o
o] o o o
Source Destination
o] (e (e (e

Figure 3-4: An extension of the single relay layer network

multiple antennas placed between any two layers of relay nodes. In this network, each
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multiple antenna node decodes the full message and again separates it into n data-
streams which are beamformed to the nodes in the next relay layer. Here in every
stage of the network operation, we have full coordination either at the transmitter
side or at the receiver side due to the multiantenna nodes placed in between any two
relay layers. Thus all the degrees of freedom can be achieved in this network as well.

In this strategy, every multiantenna node needs to know the state of its adjacent
MIMO channels. This is needed for beamforming and VBLAST at each stage. More-
over, wireless networks rarely have these intermediate multiantenna nodes. Hence we
go back to the general case in Fig. 1-3 or 3-1, where these intermediate multiantenna
nodes are absent. The transmission from one relay layer to another does not have
coordination at either end. The transmit and receive antennas of the relay nodes
cannot coordinate to act like multiantenna. Hence the previous scheme of alternate
beamforming and VBLAST cannot work. This is because each relay node in the first
layer does not know the messages received by other nodes in that layer, so the first
relay layer cannot perform beamforming to the next layer. Similarly, each node in
the second relay layer does not know the received signals at other nodes in that layer,
so it cannot decode the full message of rate nlog SNR.

If we insist on using a separation-based strategy, where every relay node decodes
the full message before transmitting [3, 6], only one degree of freedom can be obtained.
This is because the single-antenna relay nodes can at most decode reliably at a rate
of log SNR [1]. It becomes interesting to investigate if all the degrees of freedom can
still be achieved using some non-separation-based strategy when more than one relay
layers are present. This would be a significant performance gain over the separation

based strategy. This motivates the next chapter.
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Chapter 4

General Case: Any Number of

Layers

Previous chapter discussed the difficulty in achieving all the degrees of freedom in the
multiple layer relay network under consideration—the lack of coordination between
the relay nodes within a layer. The optimal network operation is unknown for this
network. However, it is clear that no more than n degrees of freedom can be achieved
since the source-destination nodes have only n antennas each. In this section, we
propose a particular network operation (which need not be optimal). We show that

this strategy achieves all possible n degrees of freedom for any fixed number of layers.

4.1 Network Operation

We fix the functions of all the relay nodes and by doing so convert the network to
a point-to-point MIMO channel. Each relay node just re-transmits a scaling of the
received symbol (with the added noise). Although each relay node could perform a
different scaling, for simplicity we assume a fixed scaling /n at every relay node, that
is the transmitted signal by node 7 in layer m is given by X,,; = ym:/+/n. This scaling
of /n is to ensure that all relay nodes obey the average power constraint. Thus a
relay does not do any kind of decoding (even partial) and all the decoding is done at

the destination, which employs an optimal decoding rule. This is a highly desirable
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feature since it simplifies the network operation immensely and only the source and

destination perform the computationally intensive tasks.

A code of rate R and length N has 2¥% codewords denoted by!' x)'(i) for 1 <
i < 2VE Note that each codeword %} (i) is a n x N matrix. A randomly gen-
erated Gaussian code of length N and rate R is prepared beforehand as explained
later and conveyed to the source and the destination. Once chosen, the same code is
used throughout the communication process. The source selects the codeword %\ (i),

corresponding to the message i to be transmitted; the 2VF

possible messages are as-
sumed to be equiprobable. The destination selects one of the 2V possible codewords

by performing ML decoding on the received signal.

In this randomly generated Gaussian space-time code, all n/N scalar symbols (in
space and time) of any given codeword x' (i) are generated i.i.d. according to a com-
plex Gaussian distribution? of variance pP for some p < 1. The choice of symbols for
any one codeword is independent of the other codewords. Such a randomly generated
code using the capacity achieving distribution has arbitrarily small error probability
for any R less than the capacity, provided the codelength N is large enough [12].

Note that, each source antenna uses only a fraction p of its available power P.
Since SNR was defined as P/o?, the effective SNR is p SNR. In spite of the reduction
in effective SNR, the number of degrees of freedom achieved remain unaltered as seen

before in Section 2.2.1. This is because

log(p - SNR)

=1 4.1
SNR oo log SNR (4.1)

for any p > 0. Thus the number of degrees of freedom measured in log SNR and
log(pSNR) are the same in the limit of high SNR. The next section shows that the
choice of scaling y/n ensures that the signal component of the power transmitted by
each relay node is the same as the source antenna power pP. The remaining power

(1 —p)P at each relay node is available for the noise component, because both signal

'Recall that we denoted the vector transmitted by layer i by x;. Hence the codewords transmitted
by the source are denoted by %3’ (i), where N denotes the length of the codeword.
2Recall from chapter 2 that this was the capacity achieving distribution for MIMO channel.
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and noise is forwarded to the next layer in our network operation.

4.2 All Relay Nodes Obey Power Constraints

Let the random state H denote the entire network’s channel state (Ho, Hy - -+ , Hy),
and let its realization i.e. sample value be denoted by H = (Hy,--- , Hx). Each layer
retransmits (after scaling down by /n) the received vector, so the transmitted vector

by the jth layer is

H . H, , H w, 2H,_H_,-- H,
_ (H,;— =2 O)X0+<\/_%+Z J l\/ﬁjjfll Wi) (4.2)
=1

(2

Xj

V'
Recall that £ [X()XT] = pPI. Moreover, the noise at different relay nodes is i.i.d. and
also independent of the signal, so the covariance matrix of the transmitted vector x;

conditioned on the channel realization is given by

P
(C:xj |:XjX;r~|H = Hi| == %(Hj_lH‘j_Q tee HQ)(Hj_lHj_Q tee I’I())Jr (43)
n
2 j—1 2

+ I+ (Hj—1Hj_o-- Hy)(Hj_\Hj_--- H;)'.

g
2G—i+1)
=1 \/ﬁ

\/52

The average power transmitted by layer j is the average of ||x;||.

ENlxI?] = Em [trace <€xj [ijﬂH = HD]

= an+02+0221 = pPn + 0%
1
The last step follows by using Eq. 4.3 with the following fact (proved in appendix B)
SH [trace ((ijlHj72 cee H0)<Hj,1Hj,2 cee Ho)T)] = leJrl

By symmetry, the transmitted power by any layer has equal contributions from each

node in that layer. Thus the power transmitted by each node in the jth layer is equal
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to pP + jo?/n. The noise component in the transmitted power can be ignored when

SNR goes to infinity in the sense that
pP + jo? < pP +ko* < (p+0)P for any 6 > 0 and large enough P/o?.

Thus the power constraint at each relay node is satisfied under the proposed network
operation. Note that p can be chosen arbitrarily close to 1, so for simplicity we

henceforth assume p = 1 i.e. each source antenna uses the full available power P.

4.3 Achievable Performance

As every layer simply retransmits the received vector after scaling it down by +/n,

the received vector at the destination is

k
(Hkafl...HO) Hka,1 e Hz
Yetr1 = Xg+ | Wggr + ——W; 4.4)
+ \/ﬁk +1 ; \/ﬁk+1 (

H.H, ,.H
_ B Hy) (4.5)

\/ﬁk

Thus the proposed network operation makes the network looks like a point-to-
point MIMO system, where the effective channel matrix is the product (or concate-
nation) of £ + 1 Gaussian random matrices. The above equations also show that
the effective noise wj,, contains the inherent noise at the layer k£ + 1 (i.e. receive
antennas) as well as the noise accumulated from all the relay layers. Evidently, there
are two potential roadblocks to achieving all the degrees of freedom. First, all the
degrees of freedom will not be achieved if the accumulated noise over all the relay
layers is too large. Second, all the degrees of freedom will not be achieved if the

effective channel matrix is near-singular.

Conditioned on a channel realization, the effective noise w;_ , is a jointly Gaus-
sian vector with correlated components. It is independent of the transmitted signal.

Distribution of this effective Gaussian noise is completely described by its covariance
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matrix. As noise at different relay nodes is i.i.d., the covariance matrix is given by

k 2
o
EWLH [W2+1W;CT+1|H = H} =o'l + § : 2k +1-0) (HyHy—y -+ H;) (HpHy—y - - H;)'
i1 Vn
(4.6)
2 2GyGl,

Now the capacity of this effective channel in Eq. 4.5 can be written as follows [1],

SNR
gH |:10g det ([ + F(GH1HkH]€_1..H1H0)(GH1Hka_1..H1H0>T>:| (47)

=&n [; log (1 - T—fm)] (4.8)
where 1; represents the ith eigenvalue of (Gy 'HHy_1..HHo)(Gy "H, H;_,.. H,H,)'.
It is the resultant channel matrix from source to destination which ensures i.i.d. white
noise at the receive antennas. This noise whitening at the receiver is done by the
matrix Gg~ ' (see Eq. 4.6). As SNR grows large, this capacity expression can be
approximated as nlog SNR (shown in appendix B).

Theorem 2 The proposed network operation achieves all the n degrees of freedom.

In other words, it achieves a rate R such that

SNlFizIEoo log SNR =n (that is R = nlogSNR in our notation.)

Thus at high SNR, our non-separation-based strategy achieves a rate that is n times
that of any separation-based strategy. We now explain intuitively why the two road-
blocks to achieving all the degrees of freedom do not matter at high SNR. The effective
noise level at the receiver is essentially k times larger compared to the original noise
level, due to noise accumulation through £ relay layers. This reduces the effective

SNR by a factor of k, but it does not reduce the degrees of freedom because k is fixed

log(SNR/k) log SNR

and thus limSNR_,OO log SNR = limSNR_,oo log SNR*

Second, the concatenation of channels [[, H; becomes near-singular with essen-

tially the same probability as that of an individual channel H;. This is because the
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smallest singular value of [[, H; is at least as large as the product of the smallest

singular values of each H; ([19]: Thm. H.1).

Simulation: We saw how the proposed network operation achieves the maximum
achievable degrees of freedom in a point-to-point system?®. A simple simulation was
done to check this theoretical result. We compared the probability of error between
a separation-based strategy and our non-separation-based strategy for n = 2, k = 4,
and SNR of 40dB. Both strategies had a rate of 2bps/Hz. The separation-based
strategy used only one node in each layer, which decoded the received message and
then retransmitted it to the node in next layer. The proposed non-separation-based
strategy used the Alamouti space-time code [17] (instead of a randomly generated
Gaussian code). The non-separation-based strategy achieved a probability of error

8.28 x 107° as compared to the 6.57 x 10~* achieved by the separation-based strategy.

3In fact, all the degrees of freedom can also be achieved when not only the overall average power
is constrained to P, but also the power within each fading block is constrained. This is stops relays
from transmitting very large power (compared to P) in any fading block. The power constraint in
this case is

E[lxmlPlH| <P 1<i<n0<m<k (4.9)

In this case, all the degrees of freedom are achieved essentially because, when the signal is being
forwarded across the layers, its very large amplification is extremely rare. See appendix D for more
details.
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Chapter 5

Tradeoffs: Rate, Network size and
SNR

In the previous chapter, we saw that all the degrees of freedom can be achieved for
any fixed number of layers. Nonetheless, extremely high SNR might be needed to
achieve that depending on the number of relay layers. Note that for any fixed value
of SNR > 0, more and more noise gets accumulated with increasing k. The end-to-end
mutual information will be driven to zero eventually when k goes to infinity. Therefore
the SNR required for achieving all the degrees of freedom keeps getting higher with
increasing network size, i.e. increasing number of layers. Thus the measure of degrees
of freedom is hiding the detrimental effect of increasing network size by assuming
very high SNR. In fact, in the simulation in the previous chapter, the separation-

based strategy outperformed our non-separation-based strategy for lower values of

SNR.

On one hand, no communication is possible when the number of layers i.e. the
network size goes to infinity and the SNR is fixed. On the other hand, all the degrees
of freedom are achievable when the SNR goes to infinity and the network size is fixed.
This raises an interesting question: what happens between these two extremes? That
is the case when both SNR and network size are comparable to each other in some

sense. Omne also wonders how to compare these two different parameters of SNR
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and network size!. What scaling should be used for the comparison? It is clear that
whether all the degrees of freedom are achieved or not does not depend on the network
size or the SNR by itself. It depends on how these two quantities are relative to each
other. If the SNR is not high enough for the network size, fewer degrees of freedom
will be achieved. In this chapter, we study this interaction between SNR, network

size and achievable rate i.e. degrees of freedom.

5.1 Asymptotic formulation and results

It is natural but difficult to explore the loss in performance due to increasing the
number of layers at any fixed finite SNR. This is because the exact eigenvalue distri-
bution of the effective channel matrix is unknown. Therefore, we explore the ways in
which the number of layers k can grow to infinity when the SNR is going to infinity
so that all the degrees of freedom can be achieved. In other words, we investigate
the set of functions £(SNR) which could denote the number of layers so that all the
degrees of freedom are achievable. This function may go to infinity with SNR going to
infinity. Now taking SNR to infinity enables us to formally find out how fast the SNR
should grow with increasing number of layers to achieve all the degrees of freedom.

The following theorem is proved in the appendix.

Theorem 3 In this network, all the n degrees of freedom can be achieved for any
function k(SNR) for which

k(SNR)

MR Tog SNR

This confirms Theorem 2, where the number of layers is a fixed number not growing
with SNR.

If the condition in Theorem 3 is not satisfied, the achievable degrees of freedom
are reduced. In other words, if one is not aiming for all the degrees of freedom then
a larger network can be reached. How large the network can be, if one is aiming for

some r < n degrees of freedom, is given by this sufficient condition.

IThis is similar to asking “How to compare oranges with mangoes?”
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Sergodic(k)

(n.0)

Figure 5-1: Tradeoff between achievable degrees of freedom and network size penalty

Theorem 4 In this network, r degrees of freedom can be achieved for any function

k(SNR) for which

g < () =1 (51)

11
SNR—o0

where p(n) is a fized positive parameter of the point-to-point MIMO channel defined
as (nlog(n) — Epg,, log det(H,,HZ))~1.

In our notation, this says that the achievable rate R = rlog SNR decreases linearly

with increasing number of layers as

R ~ nlogSNR — k/p(n) (5.2)

We define the LHS of Eq. (5.1) as the network’s size penalty Sergodic(k) with respect
to ergodic capacity. Figure 5-1 plots this linear tradeoff between achievable rate in
terms of degrees of freedom and the network size in terms of the size penalty on

ergodic capacity.

Note that theorems 3, 4 are only sufficient conditions. First, there might be other
network strategies (though it seems unlikely), which perform better with increasing
network size than our strategy. Second reason is that we have analyzed a lower bound
to the achievable rate of our strategy. However, we conjecture that these theorems

should also be necessary conditions as the SNR goes to infinity.
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5.2 Illustrative example: n=1 case

Theorems 3 and 4 are proved in the appendix B, but here we consider the toy case of
n = 1 to illustrate the essential reasoning with minimum mathematics (Fig. 5.2). Ob-
viously using the proposed non-separation-based strategy is non-sensical here. Each
relay can simply decode the full message and forward it to the next relay. In an arbi-
trarily large sized network, this separation-based strategy achieves the exact capacity
of this network given by &, [log(1 + |ho|*SNR], where |ho| is a Rayleigh distributed
random variable. Consequently, it also achieves all of the single degree of freedom
available. In fact, this network is often used to highlight the advantage of digital sys-
tems over analog systems-because there is no noise accumulation in digital systems

as opposed to the analog systems.

On the contrary, in the n > 1 case, no separation-based strategy can achieve all
the degrees of freedom due to lack of coordination between the relay nodes. Note
that there is no issue of coordination in the n = 1 case. We can only rely on non-
separation-based strategies for achieving all the degrees of freedom when n > 1. Thus
coordination (or lack of it) is an key issue in the choice between separation-based
strategies and non-separation-based strategies.

ho hy hy

S d

Figure 5-2: Case of n = 1: h; denotes the channel gain from relay ¢ to relay i + 1.

We first ignore one of the two possible roadblocks for achieving all the degrees
of freedom by our non-separation-based strategy—assume that the concatenation of
channels is never near-singular. Then the only cause of performance loss is the noise
accumulation. This is the case for a cascade of AWGN channels, where each h; is not
a random variable but identically equal to 1. Hence the concatenated channel gain
is 1- never near-singular, so the only roadblock for rate is the noise accumulation.

Due to the noise accumulated through the relay layers, the effective noise variance
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increases to (k+ 1)o?. Hence the number of achievable degrees of freedom is given by

log (1 + SN—R)

1~ k+1
" SNR oo log SNR
1 log k
= 1— lim ——
SNR—oo log SNR
Hence the size penalty function in the AWGN case is defined as limgyr_ o0 b{;’%.

However, there was one more reason for rate loss: concatenation of channels.
Hence consider the fading case, where each h; is a complex Gaussian random variable
with variance 1. Now assume that the effect of noise accumulation can be ignored
and the only cause of performance loss is the concatenation of channels being near-

singular. Then the maximum achievable rate is given by

B k
R = &llog <1+H]hi]2 SNR)]

=0

M k
~ & |log (H |hi)? SNR)] (high SNR)
L =0

= log SNR + (k + 1)€ [log |ho|*]

Thus the achievable number of degrees of freedom is given by?

R

_ ; o . 2
“snklxlogSNR 1T & [log [ho’]

" sNe Lo Tog SNR

= 1- Sergodic(k)/gp(l)

This explains the effect of concatenation of channels. Note that the size penalty

log k

1OgSNR) is much smaller than that in the fading

function in the AWGN case (limgyr— oo
case (limsngr oo log%). In fact, the former is 0 for any finite value of the later. This
indicates that we can ignore the effect of noise accumulation in analyzing the fading
case. More importantly, this shows that the dominant reason for rate loss is the

concatenation of channels, not noise accumulation.

*Note that & [log |ho|?] is a negative number because |hol?

with mean 1.

is an exponential random variable
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5.3 Some Remarks

Going back to Eq. 5.2, we can say that the SNR requirement for maintaining a
certain data rate R increases geometrically with linearly increasing network size. To
be precise, if the number of layers increases from k; to ko then the following rule of

thumb gives the new SNR; required to maintain the rate:

ko — ky

Thus the required SNR gets extremely large with increasing network size. Theorem
4 also tells that our non-separation-based strategy outperforms any separation-based
strategy when the SNR is sufficiently large or network size is sufficiently small. Recall
that a separation-based strategy achieves at most one degree of freedom.

A similar mathematical problem was studied in [13] in the context of a point-to-

point channel. The channel equation was

y = (Hka_l s Ho)X +Ww

where each H; is an independent random Gaussian matrix and w is Gaussian noise
with covariance matrix o?/. In that paper however, the size n of those random ma-
trices goes to infinity instead of being a fixed finite number. It showed that negligible
degrees of freedom are obtained if k£ grows without any bound. Now Theorem 4 sug-
gests that even for the finite n case, no degrees of freedom can be achieved when k
grows too fast. That is because the size penalty on ergodic capacity is infinity when

k grows too fast compared to the SNR.
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Chapter 6

Tradeoff between Rate, Diversity

and Network Size

Earlier chapters focused on the ergodic capacity, which averages mutual information
conditioned on the channel state, over all channel states. Achieving the ergodic
capacity is difficult because it requires that the codelength should span a large number
of fading blocks. In practice, we are also interested in the decoding error probability
when the codelength only spans some finite number of fading blocks. As in section
2.2.2, we analyze the particular case when the codelength spans only one fading block
(“short code”). We have seen in section 2.2.2 that this analysis easily extends to the
analysis of codes which span L number of fading blocks. We have also seen that
the error probability of a short code is approximated well by the outage probability.
In other words, the error probability and outage probability have the same SNR
exponent for a short code[15]. Recall the notation f(SNR) = g(SNR) as a shorthand

for
log(f(SNR)) _ . = 10g(9(SNR))

SNR o logSNR  sNrR—x  logSNR
In this notation, P.(SNR) = P, (SNR) = SNR™ for a short code of diversity d.
Nevertheless, analyzing the outage probability is easier than the error probability.

Hence we will study the outage probability for evaluating the diversity d.
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If r degrees of freedom are achieved in our network, recalling Eq. (4.5-4.8) gives

P,(SNR) = P (Z log (1 + S?L\I—kRul) < rlog SNR) (6.1)

i=1n

where y1; represents the ith eigenvalue of (Gy 'HHy_;. HHo)(Gyg "H, H;_,.. H,H,)'.
This chapter first considers the case when the network size is fixed. Then for

reasons explained later, it studies the case of increasing network size where the number

of layers could be denoted by k(SNR) which satisfies

I k(SNR) log log SNR
SNR o log SNR

In both the cases, we show (in appendix D) that the SNR exponent of the outage
probability is unchanged even if all the relays are noise-free. In the case where the
relays are noise-free, the noise at the destination is already i.i.d., so the noise whitening
filker Gu ' = I. In other words, the SNR exponent of Eq. 6.1 is unchanged if each
wi is replaced by the ith eigenvalue of (HH,_;..Ho)(H,H;_1..Hy)', denoted by v;.

Hence the diversity achieved at rate rlog SNR is also equal to

d(r) = lim —log P (3,_y,, og (1+ 2581;) < rlog SNR)
SNR—00 log SNR

(6.2)

Thus the effect of noise accumulation across the relay layers can be ignored for
diversity calculations. This is because the accumulated noise essentially reduces the
SNR by a factor of k. However, this does not reduce the achievable degrees of freedom
as the SNR goes to infinity. This implies that the rate-diversity tradeoff is mainly
influenced by concatenation of channels, not noise accumulation. This fact was also

observed regarding ergodic capacity in the previous chapter.

Theorem 5 At high SNR, the rate-diversity tradeoff in our network is unchanged

when all the relay nodes are noise-free.

Therefore, this rate-diversity tradeoff is also congruent to that in the following
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point-to-point concatenated MIMO channel.
Yy = (Hka_l s Ho)X +w

where each H; is independent of others and has i.i.d. complex Gaussian entries of
variance 1/n. The noise w is a Gaussian random vector with covariance matrix o21.
This is also the point-to-point channel studied in [13]. Such similarity between these
two problems was also observed for the tradeoff between ergodic capacity and network
size (Theorem 4). Thus whatever is true regarding the tradeoffs in this concatenated

point-to-point channel is also true for our network.

6.1 Fixed Network Size

As the effects of noise accumulation can be ignored, we only need to study the rate
diversity tradeoff of a channel which is a concatenation of £ + 1 i.i.d. Gaussian

matrices. First, we state the following property!.

Lemma 6 Let o and oP denote the singular values of matrices A and B respectively.
They are arranged in increasing order, for example: o < a3t--- < . Then the

singular values of AB are lower bounded as follows

oA > gBsA m<i<n (6.4)

Now we explain the intuition behind this property. Let U >4V and UgXgVp

be the singular value decomposition of A and B respectively. Singular values of AB

LA proof is given in the appendix as we could not find this in existing literature.
2Note that Eq. 6.3 is already known [19]. Lemma 6 in this thesis can thus be viewed as its
generalization.
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are same as those of ¥4V, UpY g, since multiplication by an unitary matrix does not

change the singular values.

One can think of the matrix ¥ 4 as an ellipsoid in a complex n dimensional space,
with its axes collinear to the coordinate axes. Lets denote this ellipsoid by &x,. It
corresponds to a pdf contour surface of an n dimensional Gaussian with independent
components. More specifically, consider a dummy complex Gaussian row vector z
with covariance matrix /. Ellipsoid &5, represents a pdf contour of z¥4 such that
the length of each axis of &5, is equal to a singular value of'. Multiplying ¥4 by the
unitary matrix V4Up corresponds to a rotation of £y, in its n dimensional space. This
rotated ellipsoid &y, v,u, represents the pdf contour of z¥4V4Up. Then multiplying
¥ 4VaUp with a diagonal matrix ¥p corresponds to scaling (stretching or shrinking)
the rotated ellipsoid &x,v,0, along each jth coordinate axis by a factor O'J-B . The
resultant ellipsoid &sx,v,u,n, corresponds to the pdf contour of zX 4V UpX¥p. The

axis-lengths of this resultant ellipsoid &5 ,v,u,x, are equal to the singular values of

Y 4VaUpX g, which are same as those of AB.

Illustration: We demonstrate this idea with the example of a real two-dimensional
case. Let z be a real two dimensional vector with i.i.d. Gaussian entries of unit vari-
ance. Also let ¥4 = diag(2,1), ¥p = diag(1,4) and let V,Up be a rotation by
/4.

1/vV2 1/V2
—1/V2 1/V2

Figure 6-1 shows the elliptical pdf contours of z, z¥ 4, zX 4V Ug and z> 4V, UpYp.

VaUp =

They are denoted by 5[7 fZAa SEAVAUB and €EAVAUBZB7 respectively.

Lemma 6 says that the axis-lengths of £y ,v,v,5, are minimized when the axis of
the rotated ellipsoid &s., v, 1, are collinear to the coordinate axes. Since the axes of the
original ellipsoid &y, are along the set of coordinate axes, the optimal rotation V4Up
is simply permuting the axis-lengths of the original ellipsoid £y ,, while maintaining
their orientations. In algebraic terminology, the singular values of AB are minimized

when V,Up equals a permutation matrix.
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(a (b) ©) @

Figure 6-1: Elliptical pdf contours of two dimensional real Gaussian random vec-

tors: (a) & (b) &, (Stretching) (c) &s,v,u, (Rotation) (d) &s,v,uss, (Stretching a
rotation)

For example, consider the case of the smallest singular value o{"® of AB. The
length of the smallest axis of the original ellipsoid {5, is o¢! and the same is true
for the rotated ellipsoid &5 ,v,0,, because rotation does not change any axis length.
The smallest axis of the resultant ellipsoid &x,v,u,5, is at least of'oP. Tt is because

scaling the rotated ellipsoid & ,v,p, along each coordinate axis i by a factor of o7

B

means that any direction is at least scaled by o.;, 2 oB. Hence &5, v,v,, is scaled by
at least a factor of of in each direction. Evidently, the minimum of o{'¥ is attained
i.e. the smallest axis-length of resultant ellipsoid &x,v,u,5, 1S minimized when the
smallest axis of the rotated ellipsoid is aligned to the coordinate axis which gets
scaled by 0. The above lemma follows from generalizing this visualization. Thus
this lemma is essentially claiming that the axis-lengths of the resultant ellipsoid are

minimized when the scalings on the rotated ellipsoid act directly along its axes.

We can rewrite Lemma 6 as

. AB : A B
min o = min OH (NOT 6.5
! 4 (3)+1 g () >i+1 a@) s () (65)

where I14, IIg are permutation functions on the set {1,2---n}. Any particular choice
of IT4 and Il fixes the right hand of the above equation for all <. Hence we have to

search for II4 and Il which jointly minimize all the singular values of AB.
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Now we define a; in terms of the substitution v; = (i’:'—kR)_o‘i and let snr be defined

as 57'1\'—5. This snr is equal to the SNR level for the transmission from the last relay
layer to the destination. The scaling by y/n at each of the k relay layers has reduced
the initial SNR by a factor of n*. Note however that SNR = snr. This implies that
the number of degrees of freedom measured in log SNR and logsnr are the same.
Thus although the SNR is reduced across the layers, it does not reduce the degrees

of freedom achieved. We use A/ to denote the ith smallest eigenvalue of HJHj We

also define 3/ in terms of the substitution X/ 2 snr 4,

By repeated application of Eq. 6.5 and application of Laplace’s principle we get

Plyy<snr®: 1<i<n) = Play>0;: 1<i<n) (6.6)

k
= i - <1< .
HOHEII?'?(HIC P (; ﬁnj(l) >0 1<i< n> (6.7)

where each II; denotes a permutation function. Laplace’s principle [21] is essentially
saying that the predominant way in which (a; > 6; : 1 < i < n) happens is when
the ellipsoids of all the channel matrices are aligned to each other according to the
permutations (1o, IT; - - - II;). That is where the eigenvalues of the concatenated chan-
nel are minimized. Only the alignment according to the optimal set of permutations
dominates this probability. All other reasons for this event are much less probable

than this one dominating cause.

From [15], we know the distribution of eigenvalues of matrix HjH; is given by

P8}, 35+ 3) = [T SNR-®0% = T snr G0 (6.8)
=1 i=1

Recall that every channel H; is independent of all other channels, so its 7th eigenvalue
M is independent of all ,\{f,/ for 7 # j’. Hence B{ — losh g independent of all ﬁf,l

7 log snr

when j # j'.
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Hence the joint distribution of the set of all 617 is given by

k n
p(ﬁf:lﬁiﬁn,OSjSk)iHHS -0 (6.9)

7=01i=1

Now lets go back to the outage probability. We can write (1 + snry;) = snrit—ea)™

where (1)) denotes max{0,z}. Now the outage probability from Eq. 6.2 is given by

SNR - ) —ay)t r
Pout(SNR) = P (H(l + 7%) < SNR ) =~ P Hsnr<1 " < SNR )(6.10)

%

~ P HSNR(lo‘i)+§SNR’"§§.11)

d1-a)t < r) (6.12)

i

Il
e,

Applying Laplace’s principle to the above equation along similar lines as in [15],

together with Eq. 6.7 and Eq. 6.8 we get

Pow(SNR) = min (Hﬁ snr~ (D) 3]) (6.13)

7=0 i=1
where (3 is the following constraint for outage to occur
n k +
_ J
(1) <
i=1 §=0

Thus we have reduced the diversity calculation the following linear optimization.

Theorem 7 At r degrees of freedom, this network achieves a diversity equal to

d(r) = Horl%m (Z Z (20 — 1)@7) where

,]: =1

B denotes all (3 11 <i<n,0<j<k) satisfying >, < ZkH Bl z)> <r.

45



Example: Consider the case of k = 1 and n = 3, for illustration. For r = 2, the
above minimization is attained at® 5 = 3] = 0.5 and every other ﬁf being 0. The
permutations are having Ily(1) = II;(1) = 1. That is the smallest axis of (ellipsoids
of) each matrix should be collinear with each other. This gives d(2) = 1. For r
between 2 and 3, the diversity is the line segment joining d(2) and d(3) = 0. In
general, one only needs to find d(r) for » = 0,1---n. Diversity at non-integer r is

obtained by linear interpolation of the diversity at neighboring integers to r.

For r = 1 in our example, the minimum is attained when 3} = 8 = 1 and all
other 3/ are 0. The permutation should have TIy(1) = 2 = TI;(2) and T1y(2) = 1 =
IT;(1). That is the smallest axis of (ellipsoids of) each matrix is aligned to the second
smallest axis of the other matrix. This gives d(1) = 2. For r» = 0, the minimum
is attained when 4 = 8] = 1 and ) = 3 = 0.5. The permutation functions are
[Ih(1) = 3 = II1(3), [IH(2) = 2 = II;(2) and I1p(3) = 1 = II;(1). This aligns the
smallest axis of first matrix to largest axis of the other matrix and vice versa. The

second-smallest axes of both matrices are collinear. The diversity attained is d(0) = 5.

In general for £ = 1 and any n, at integer r degrees of freedom, the minimum is
attained when the smallest n — r singular values of each of two matrices are aligned

in the reverse order to each other. Meaning, that ith smallest axis of first matrix is

n—r

2

aligned to n —r + ¢+ 1th smallest axis of second matrix. The smallest | %5* | singular

values of both matrices are of the order snr=!i.e. for j = 0,1

n—r

fl=1 for 1<i<|

|

where |z| is the largest integer not greater than x. For odd values of n — r, both

matrices have ﬁf = 0.5 for i = |"5%] +1. All other ﬁij are zero. Nevertheless, keep in

mind that the described optimal solution is not unique. Figure 6-3 plots the tradeoffs

for different values of n when k = 1.

3The optimal IIy, II; and ﬁf s stated here are not unique as we will see later.
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Figure 6-2: Rate-diversity tradeoff for various n when k£ =1

6.1.1 Diversity Calculations and Typical Outage Events

From Theorem 7, how to find the diversity for the general case when k£ > 1 is not im-
mediately clear. The following story explains an easy method for diversity calculation
at integer r degrees of freedom. Moreover, it also explains the typical (or dominant)
cause of outage events. For non-integer r, linear interpolation of the diversity at

neighboring integers of r gives the diversity.

King A has ranks 1 to n for horses with k + 1 horses of each rank. The
jth horse of rank ¢ is called ﬁf . King A has to send n — r horses to
another king. A horse of rank i costs (2¢ — 1). To minimize the total cost,
king A first sends all his lowest rank (i.e. rank 1) horses. If more horses
are needed, he sends the rank 2 horses and so on. The cost incurred for

sending n — r horses in this way equals the diversity achieved.

Evidently, if £ 4+ 1 > n only the lowest rank horses need to be sent. Thus we get

the following corollary.

Corollary 8 This network achieves a diversity of n —r at r degrees of freedom for

any fixed number k of relay layers satisfying k > n — 1.

This is a much worse rate-diversity tradeoff compared to the usual point-to-point

MIMO channel (i.e. the k = 0 case), as seen in Figure 6.1.1. It is expected because
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the king A in the point-to-point channel case has only 1 soldier of each rank. Hence
sending n — r horses is costlier for him compared to a king having k£ 4+ 1 horses of
each rank. Thus a product of multiple i.i.d. random Gaussian matrices makes it
much easier to have an outage, compared to a single random Gaussian matrix. For
the same reason, for any r, n and k, the point-to-point MIMO channel will always

achieve more (or equal) diversity compared to the concatenated channel.

n
\ r

n

Figure 6-3: Rate-diversity tradeoffs when £ + 1 > n. Continuous line shows the
tradeoff for our network and dotted line shows the same for point-to-point MIMO
channel.

The above story also gives us some insight into the most dominant i.e. the typical
cause of outage. Giving n — r horses denotes destroying n — r degrees of freedom.
Choosing horse j of rank ¢ denotes )\Z being of the order of SNR™ (in the = sense).
Thus each horse has the ability to destroy one separate degree of freedom completely.
The cost of horse j of rank 7 signifies the likelihood of having )\g = SNR™'. More the
cost (2i —1) of a horse, it is more unlikely to have /\g = SNR™!. More specifically, this
has a probability of the order of SNR™?V: that is, less likely for higher i. If the total
cost of sending some n — r horses is d;, then the likelihood of loosing n — r degrees
of freedom is of the order of SNR™. The optimal choice of the n — r horses (as
explained in the above story) minimizes d; and hence corresponds to the dominant
cause of loosing n — r degrees of freedom. Other choices which cost more than the
optimal cost d(r) are much less likely to be the cause of loosing n — r degrees of

freedom.
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In the dominant cause of loosing n —r degrees of freedom, note that two near-zero
eigenvalues )\g (of the order of SNR™') cannot be aligned in the same direction. The
product matrix will have an eigenvalue v; = SNR™? if they are aligned in the same
direction. This is an atypical (rare) way for destroying a degree of freedom which
only requires v; = SNR™. Thus typically, each near-zero eigenvalue of the order of
SNR™! destroys exactly one separate degree of freedom. Equivalently, each near-zero
eigenvalue Vij has acted on a different axis of the resultant ellipsoid of Hy - - - Hj.
Hence typically, there are n — r near-zero eigenvalues /\f of the order of SNR™ and
each of them destroys a separate degree of freedom. The optimal choice of choosing
the horses of the lowest possible ranks corresponds to the dominant way in which
n — r eigenvalues out of the set {\/} of all the (k + 1)n eigenvalues are of the order

of SNR™L.

6.2 Increasing Network Size

In the last section, we saw that the diversity is given by d(r) = n — r, when k is
large (kK > n — 1). How is this affected when £ is not a fixed number but grows to
infinity with SNR? Along similar lines as in the previous chapter we ask the following
question. What is the set of functions k(SNR), which could denote the number of
layers so that a diversity d can be achieved with r degrees of freedom? For a reason

which will be clear later, we restrict ourselves to k(SNR) which satisfy,

. k(SNR) log log SNR
lim
SNR—o0 log SNR

(6.14)

In Eq. 6.8, we had ignored a multiplicative factor of* (log SNR)"7, because it did not
matter then in the = sense of equality. It cannot be ignored now when k& goes to

infinity with SNR. Considering this factor, the joint distribution of all ﬁf in Eq. 6.9

47 is a constant depending on n.
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is modified to

k n ‘
p(F1<i<n0<j<k) = 7 (logSNR"*H) TTTT SNR 0%

j=0 i=1

- k“(logSNR) n(k-+1) HH snr—(2¢—1)3{

j=0 i=1

k n
= (log SNR)"(k+1) (H snr— (- Uﬁ])
1

7=0i=

N
3

Second step follows because we still have SNR = snr = SNR/n" as before, since
k/logSNR — 0 if Eq. 6.14 is satisfied. Last step follows since 7%*! = 1, again
because k/log SNR — 0.

Now the outage probability in Eq. 6.13 will be multiplied by an extra factor of
(log SNR)™*+1) " Hence the diversity achieved is given by

B . log(log SNR)™®+1) G ;
d(r) = — (SNlFl(Iiloo log SNR + Horrrlllmnk mln Z Z (20 —1)p]

where (3 means the same as in Theorem 7. Lets denote the term in the first bracket
above by Soutage(k). Thus the diversity achieved is Spytage(k) less compared to the
calculation in Theorem 7. Since for large k£, Theorem 7 yields to d = n — r, we get

the following theorem.
Theorem 9 The following diversity can be achieved in this network when r degrees

of freedom are to be achieved:

d(?“) - (n - r—= Soutage(k))+ (615)

k(SNR)n log log SNR

o8 SNR , which represents the size penalty

where Soutage(k) is equal to limsnr— o0

function in the outage formulation.

In other words, r degrees of freedom and diversity d can be achieved for those functions
k(SNR), which satisfy Soutage(k) < n —r — d. Note that as expected, Soutage(k) = 0

when £ is fixed as in Corollary 8.

20



6.2.1 [Illustrative example: n=1 case

Once again consider the simple case of n = 1. Let hg, hy - - - h denote the channel
gains as the previous chapter and substitute |h;|? 2 SNR™%. As the effect of noise

accumulation can be ignored, the outage probability is given by

P,(SNR) = P <log (1 + H || SNR) < rlogSNR)

J

SR

= / (Y0, 715+ k) dyodys - - - doye
(1=3, ) <r

However, every |h;|? is an exponential random variable with mean 1 because every h;

log |hj|? .
_ g | ]| is
log SNR

is a circular symmetric complex Gaussian. Hence the distribution of ~; =
given by
p(7;) = (log SNR) SNR™ exp(—SNR ™)

For negative v;, the last factor above decays exponentially fast to zero with increasing
SNR. Hence we may neglect those cases in the integral for outage probability. For v; >
0, it converges to 1 and converges to 1/e for v; = 0. Either way, the exp(—SNR™)

is equal to 1 in the = sense.

Now note that the p(yo, 71, v) = [[; p(7;), since all channels are independent
of each other. The integral for outage probability now reduces to the following integral

over all nonnegative v;

Pout(SNR) = / (logSNR)kHSNR_ > dr)/o e d’}/k
(A= m)t<r

= (log SNR)**t SNR=(*=")

Hence we get

_ . Kk(SNR)loglog SNR
dlr) = - (sn\llrlzriloo log SNR o

This explains the nature of the size penalty function in the outage formulation.
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6.2.2 Some Remarks

Comparing size penalty on ergodic capacity, Sergodic(k), in Eq. (5.1) to Soutage(k)
in Eq. (6.15), we observe that the size penalty in the outage formulation can be
significantly higher than that on the ergodic capacity. For example, if

_ 2 logSNR

Soutage(l;:) = n, which implies that at any positive diversity gain, the supported outage
capacity vields 0 degrees of freedom. We can thus view k as an upper limit on the
supportable network size, when coding over a single fading block. This explains why
we started with the assumption in Eq. 6.14.

Note that the ergodic size penalty for k number of layers is Segodic(k) = 0, which
means that the ergodic capacity yields all the n degrees of freedom. However, one
has to code over a large number of blocks to get close to the ergodic capacity. This
behavior is different from the point-to-point case. In a point-to-point MIMO channel,
the outage capacity approaches the ergodic capacity (= nlog SNR) as the required di-
versity gain approaches 0. In contrast, in a large network system (k comparable to k),
the outage capacity, at any positive diversity requirement, is in general much smaller
than the ergodic capacity. Therefore, the network throughput is mostly restricted by
outage events.

Another important observation is that the maximum diversity for a network is
n instead n? as in the point-to-point case discussed in chapter 2. Reason being, at
r = 0, a typical outage event for the network is that n out of the £ 4+ 1 channel
matrices lose 1 degree of freedom each, rather than only one channel matrix losing all
n degrees of freedom®. Losing one degree of freedom by each of those n matrices is
much more common than loosing all n degrees of freedom by a single matrix. In short,
the dependence on many random matrices makes it much easier to loose degrees of
freedom in this network compared to the point-to-point case.

It is also worth noting that the network size in terms of Syutage(k) and diversity

5In terms of the horse story, it means that n horses of the lowest rank are sent out.
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d can be traded off. That means when r degrees of freedom are achieved, either
Soutage (k) equal to n — r can be achieved if no diversity is needed or vice versa. Of
course any diversity and Soutage(k) which add up to n — r can also be achieved.

As an endnote, we can extend all the diversity calculations (for short codes) in this
chapter to the case where the codelength spans L fading blocks. This is along similar
lines as in chapter 2. The error probability in that case is given by P, = SNR™24"),
where d(r) is the achievable diversity for this network when r degrees of freedom are

achieved. It is because now an error happens essentially when all the L fading blocks

are in outage.
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Chapter 7

Discussion

All the results in this thesis were derived for SNR going to infinity. Nonetheless, we
can also deduce some rules of thumb to be used in practice by substituting actual
values of parameters like SNR and k in the size penalty functions for ergodic or
outage formulation. For example, consider an engineer who wants to achieve the
same diversity and degrees of freedom after the number of layers are increased from

k1 to ky. The new SNR; to ensure this is obtained by equating the “empirical” value

nki loglogSNRy _ nksloglog SNRo
log SNR; _ log SNR2

of the size penalty function, i.e. . However, the reader
should keep in mind that all the results we obtained were based on a particular non-
separation-based strategy for our network. There might be other non-separation-based
strategies (though unlikely) that achieve better tradeoffs.

In chapters 5 and 6, the number of layers (k(SNR)) grew to infinity. The total
power of all the nk relays also grew with the network size as nk(SNR)P. In some
situations, this is not possible and the total power has to remain constant irrespective
of the network size. If this total power available to this growing network is constrained
to P, the results in chapters 5 and 6 remain unchanged. Because P = m for the
cases in those chapters. This is when total power is equally divided amongst all the
relays. Essentially, the SNR is so large that dividing it by nk(SNR) does not reduce
the rate significantly.

The main result (Theorem 2) can be trivially extended to a network of j source-

destination pairs, which has all the source-destination pairs separated by the same
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relays-in-layers network. In that case, each source-destination pair can have a rate
of % log SNR, which can be achieved by time-sharing.

Our network model can be also extended to a situation where the source and
destination do not have multiple antennas. In that case, a multiantenna is mimicked
by using multiple time-slots. Each of these time-slots acts like a virtual antenna, and
every technique for multi-antenna systems can be employed on this virtual multi-
antenna system. As long as the time-slots are separated enough to experience differ-
ent fading realizations, they replace the role of independently faded spatial paths in

multiantenna systems.

7.1 Increasing n case

We have assumed the number n of relays per layer to be a fixed number throughout
the thesis. Thus the SNR is much larger than n. However, to get a better idea of this
requirement, we can think of n growing with SNR as n(SNR), using a similar line as
k(SNR) in chapters 5 and 6.

Now consider the case of point-to-point MIMO channel discussed in chapter 2.
We apply a result from [22] about the smallest eigenvalue A\ of HHT, where H is a
random matrix with i.i.d. complex Gaussian entries. It says that &y [log(A'n)] tends
to a constant when n grows to infinity. Applying this to the capacity of this channel
(from Eq. 2.7 and 2.8)

Cunio = Y _ & [log(1+ SNRA)] > n & [log(1 + SNRA)]

i=1

v

n & [log(SNRAT)]

SNR
= né& log(T) + log n A
n (logSNR — logn + (a constant))

Q

This expression is approximately nlog SNR when the following condition is satisfied

log n(SNR)

= 1
SNR oo log SNR . (7.1)
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Note that this is only a sufficient condition for achieving all the degrees of freedom. In
fact, it is not even clear if achieving all the degrees of freedom becomes more difficult
with growing matrix size. It might be the case that all the degrees of freedom are
achieved for all functions n(SNR). Thus we obtained a sufficient condition on the
number of antennas with respect to SNR, for achieving all the degrees of freedom in
a point-to-point MIMO system.

This condition is also true for achieving all the degrees of freedom in our network
when number of layers k is fixed. More generally, when k is also growing with SNR,
the following sufficient condition (for achieving all the degrees of freedom) is obtained
along similar lines as in Theorem 3

1 K(SNR)logn(SNR)

SNR—o0 log SNR =0

7.2 Implications to Ad-Hoc Networks

The main result (Theorem 2) can be extended to a multi-access network where n
separate users with 1 antenna each are communicating with a destination having n
antennas. The n users and the destination are separated by k layers of relays. This is
essentially the same as performing VBLAST in our original single source-destination
network. Hence each user can achieve one degree of freedom.

This can be applied to an static ad-hoc network as in [23]. There the entire network
of area A has M single antenna nodes spread randomly with an uniform distribution
over the area. The network was divided into cells of area a(M)A. In other words,
each cell occupied a fraction a(M) of the total network area which depends on the
total number of nodes.

If there exists a constant ¢; and an integer M; such that a(M) > ¢, log M/M for
all M > M, then each cell almost surely has Ma(M) £ +/2Ma(M)log M nodes [23].

In particular, we consider the case when a(M) > log M /M and hence the number of

nodes in each cell is given by' n ~ Ma(M).

'Recall our notation of ~ and >>, which means the ratio of the their two sides goes to one and
infinity respectively as M tends to infinity.
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Ad-hoc network of area A

\ Individual cells of area Aa(m)

Figure 7-1: Ad-hoc network divided into multiple cells

In that model, transmissions from a cell can only reach the neighboring cells.
In their communication scheme, if any node in a particular cell ¢ is transmitting a
message to cell ', then all neighboring cells of i’ (other than cell ¢) remain quiet to
ensure interference-free reception of the message. Each cell transmits at regularly
spaced time-slots leaving other slots to the neighboring cells. However, only one node
in a cell transmits at a time. The message from each source reaches its destination
through the sequence of cells on the line joining the source-destination pair (Fig. 7-2).
This is a separation-based strategy where the message is decoded before transmitting

in the next hop.

|
|
/
7 =
|
e
ul

EEEEN R

The cells on the straight line joining
s to d areinvolved in this hoppina.

Figure 7-2: Path of a message from its source to destination: The message is hopped
through the cells on the dotted line which joins the source-destination pair.

This framework fits well into our network model by considering that each relay
layer is formed by the nodes in a cell on the line joining the source destination pair.
Now instead of only one node in a cell transmitting at a time, we let all the nodes

in a cell transmit simultaneously. They simply retransmit the received signals from
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the previous cell /layer without decoding. Somewhat optimistically, let us assume that
each cell also has a multiantenna receiver with n antennas. Moreover, we assume that
this multiantenna receiver knows the MIMO channels in the path of the message for
each destination in the cell. After receiving the messages of all the destinations in its
cell, it beamforms those messages to their respective destinations. Incorporating our
non-separation-based strategy will essentially give an n fold increase in the achievable

rate at high SNR. The delay analysis will remain the same as in [23].

The throughput 7'(M) and delay D(M) for the strategy in [23] is given by

T(M) =~ W and D(M) = c3/+\/a(M)

where ¢y and c¢3 are some constants. At high SNR, incorporating our non-separation-
based strategy gives the following n times improvement for the throughput in the

throughput-delay tradeoff for a(M) > log M /M.

T(M) =~ con/a(M) and D(M) = c3/+v/a(M) (7.2)

The delay to throughput ratio in the separation-based strategy of [23] is of the order of
M. Equivalently, the delay is essentially M times the throughput. With our strategy

the delay to throughput ratio is order of magnitude better because for our strategy

C3

DOM)/T(M) = s

< M/logM < M

In addition to this improved delay-throughput tradeoff, the maximum achievable
throughput here is far greater than the maximum throughput for separation-based
strategies in [23, 3]. The maximum throughput possible there was of the order of
1/v/Mlog M. By choosing a fixed value of a(M), our strategy can give an essentially

constant throughput which does not decrease with increasing number of nodes M.

The previous discussion may seem to imply that ad-hoc networks can be made scal-
able i.e. the throughput per node need not decrease with increasing number of nodes.

However, one has to keep in mind that it had many optimistic assumptions such
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as: having (extremely) high SNR, having no interference between non-neighboring
cells and having a multiantenna receiver in each cell with all the required channel
knowledge. Nevertheless, this analysis suggests that in some cases, significant gains
might be obtained in practice by using non-separation-based strategies—particularly

at high SNR.

7.3 Summary

We showed that in the limit of high SNR, all the degrees of freedom can be achieved
whether or not there is of coordination amongst relay nodes; that is, the lack of co-
ordination amongst relay nodes costs nothing asymptotically. We found the tradeoffs
between rate, network size and SNR. We also studied the rate diversity tradeoff for
this network, and how it is affected by increasing network size. Penalty functions for
increasing network size were derived for the ergodic and outage formulations.

This thesis is another example (like [16]), where a very simple network operation
gives asymptotically optimal performance. It also suggests that in practice, exploring
non-separation-based strategies has the potential to provide significant improvements—

specially at high SNR.
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Appendix A

Proof of Lemma 6

Let UsX4V4 and UgXgVp be the singular value decomposition of A and B,
respectively. Assume these singular values to be arranged in increasing order,
for example of < of'--- < ¢7!. Now singular values of AB are same as those
of ¥ 4V,Up¥ g, since multiplication by an unitary matrix does not change the

singular values. We use @) for V,Upg for simpler expressions. We now write

Yp = diag(c?,08 .- 0P
= diag<alB7 UlBa T aalB>
+ diag(af _UIB’Uf—l _UIBa"'U2B _UIBvO)
é O'IB]—FEB

Then we have YaQX R oPYAQ + X .4Q%5 2 Q1+

Now eigenvalues of (€ + Q5)(2; + Q)" are at least as large as eigenvalues of
QlQJ{. First, because (2 Q;+Q2QI and 9295 are positive semi-definite matrices.
Second, because eigenvalues of sum of two positive semi-definite matrices (say
C' and D) are at least as large as the eigenvalues of any one of those semi-
definite matrices (C' or D). Hence singular values of ; + {2y are at least as
large as those of ;. However, singular values of Q; = 0¥ ,4Q are same as
those of 0P 4. Hence we get the following lower bound on singular values of

AB denoted by o/?,



Similarly for a more general version of this result, let 1 <m <n

m’th place
Yp = diag(cZ,---, o2 0---0)
+ diag(af - Jﬁ, . --aﬁﬂ — aﬁ,(),afb_l, . ,UlB)
2 Jﬁﬁ” + Y5
Hence S4Q%p = oBYAQIM+X4Q%5 2 Oy + O,

Here I™ is a diagonal matrix whose last m — 1 diagonal entries are zero and
other diagonal entries are 1. Using exactly the same arguments as before, we
see that singular values of AB are at least as large as those of 023 AQﬁ”.
By Poincare separation theorem ([18]: Sec. 1f.2), we know that jth largest
eigenvalue of X AQI™ is at least as large as (j + m — 1)th largest eigenvalue
of ©4. It is because multiplying by I™ can at most nullify the largest m — 1

singular values of ¥ 4Q (i.e. of X 4).

To understand this, one can think of the diagonal matrix 3 4 as an ellipsoid in
a complex n dimensional space, with its axis collinear to the coordinate axis.
The length of each axis is equal to a singular value . Multiplying ¥4 by an
unitary matrix corresponds to a rotation of the ellipsoid in its n dimensional
space. Then multiplying ¥4 with any diagonal matrix D corresponds to
stretching or shrinking this rotated ellipsoid along each jth coordinate axis by
a factor d;, which is the j the diagonal entry of D. The lengths of the axis of
this resultant ellipsoid are equal to the singular values of % AQIAm. Evidently,
the worst rotation @) of the original ellipsoid is when the largest m — 1 axis of
the original ellipsoid are shrunk to zero by I™. Hence the jth largest singular
value of ©,4QI™ is at least equal to the (7 +m — 1)th largest singular value
of X 4.

Note that the jth largest singular value of a matrix is its (n+1— j)th smallest
singular value. Replacing n + 1 — 7 by 7 gives



Appendix B

Proof of Theorems 2, 3 and 4

We saw the achievable rate for our network operation is

SNR
R = gH [ log det (I+ F(GﬁlHka_l..HlHo)(GﬁlHka_l..HlHQ)T>]
n

where H denotes the network’s channel state (Hy, - -+ , Hy). Let )\ﬁ’p "4 denote
the sth smallest eigenvalue of (H;H,..H,)(H;H,..H,)!. Note that smallest
singular value of G is the inverse of the largest singular value Gg. Hence

by Theorem 6 we get,

[ SNR A0
R u Z log (14’7)\6, )]
N\ -1
SNR k,..0 max
2 Z log | 14— (1 + Z n(k—j+1)>

v

v

because the largest eigenvalue of AAT + BB' is at most the sum of largest

cigenvalues of AA" and BBT. Here A\¢  denoted the largest eigenvalue of

max

GgGg'. The above lower bound on rate is itself smaller than

[ SNR .0 Ao
> & Z (log(1+—>\ )‘1 g<1+2 (k—j+1)
L i=1in Jj=Llk
[ SNR Ao
> &n Z(log( )\k 0) lg<1+z (mkaxj+1>>]
L i=l:in J 1kn
kk: 1.5
> nlogSNR — (k + 1) (logn — &y [log det(H,,H[)|) — néx |log | 1+ Z rza};H)
j=Ll:k
. )\kk 1.4
> nlogSNR — (k4 1) (logn — &x [log det(H,,H[1)]) — nlog | 1 + Z‘gﬂ[ nlzaxgﬂ)}
=1k
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The second last step is because all H;s are i.i.d. and determinant (i.e. prod-
uct of eigenvalues) of a product of matrices is same as the product of their

determinants. The last step follows by Jensen’s inequality.

Noticing that sum of eigenvalues i.e. trace of a positive semi-definite matrix

is always larger than its largest eigenvalue we get,

A1 [ trace(Hy 1 jHEL ) )
j=L j=l:

= nlog |1+ ZEH trace%])

nJ
=1k

= nlog 1+Zn>

=1k
= nlog(1l+ kn)

An inductive argument is used for proving the second last step above i.e.

H,, ;HY,
Eu [trace (%)] =n Vj (3)

For j = 1, since all n? elements of H; are i.i.d. complex Gaussian with variance

:
1, we have g [trace (%)} =n21.

Consider two independent n xn matrices A and B with i.i.d. entries of variance
1. We have Ea [||(AB)(7,7)]|?] = n. Similarly, all entries of A\% will be i.i.d.
of variance 1, i.e. same as the variance of entries of A and B. This is true for
all distributions of entries of A and B, as long as their entries are independent

of each other and have variance 1. Since all H;’s are independent of each other,
H,H,..H; is independent of H, ;. Hence? £y [H(ng—% e %)3—%”%] =n?1.

The desired result follows.

The following lower bound on achievable degrees of freedom is obtained using

2Frobenius norm of a matrix ||A||f is defined as ||A||% = D |A (i, 7)|?
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Eq. 3 and previously obtained lower bound on the rate.

_ R > n—on) i k(SNR) +1 I nlog(kn + 1)
" T oNRbwlogSNR = 1 PV snREs  Tog SNR SNRese  log SNR
log k(SNR)

= 1= Sergoie(k) — " SNR Lo log SNR

For any finite value of Sergodic(k), the last term in the above expression equals
zero. Thus we get Theorems 3 and 4. The size penalty Sergodic(k) is zero for
any fixed k, hence all the degrees of freedom can be achieved. Thus Theorem

2 is proved.
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Appendix C

Proof of Theorem 5

Recall that each p; <

by Theorem 6. Hence,

In ax

SNR )\k 0
P,s(SNR) < P Z log (1 + 7)\0 > < rlogSNR)

max

N k..0
1+ S— Al ) < rlogSNR)

IA
“U
M\
2
~/~

nk \G

i=1l:n max

)\kk 1.5
k..0 max
< P E log —|——>\ E oy y+1)> < rlogSNR

i=1:n j=1k

SNR A1y

< P Zlog 1+—)\k0) nlog( Z “;ax+1)><rlogSNR>

i=1ln =1k

Denote the term n log (1 + Zj:l:k %) by 6. Let § be an arbitrarily small

positive number.

NR
= P(ezalogSNR)P(Zlog (1+S—>\k 0) —9<rlogSNR|92510gSNR>
i=1:n
R k..0
+ P(0 < 5logSNR)P [ 3 " log (1+ ==X ) =6 < rlogSNR | 6 < 5log SNR
i=1:n

< P(6 > 0log SNR)

(Z log <1 + R)\k 0) < (r+40)logSNR | 0 < 5logSNR> (4)
i=1l:n

We will now show that the first term above is much smaller than the second
term. In other words, the SNR exponent is (much) more negative for the first

term than the second term in the limit of high SNR.
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PO >0logSNR) = P[1+ Z %’“Lﬂ) ZSNRM)
< P jgk Afmk’;ilf) . SNRZ” - 1)
< P jgk A%ax )\%a}( )\%X > SNR(SZ — 1)
_p jgk Arl;f;ax A%ax .A%X . SNRZ” _ 1)

Since SNR is very large, SNRd/”/Q > 1. Hence we get,

1 )2 j 5/n
P<0 Z 6]-Og SNR) = P ( U ArﬂaX )\max Amax > SNR )

~,non n 2k
j=L:

2 7 o/n
Z P max )\max Amax > SNR
n 2k

j=1:k

IN

SNR/™

5% L(SNR) for simpler expressions. Now recalling

Now we substitute

the fact that geometric mean is at most equal to arithmetic mean,

P(f > §1ogSNR) < Z P
j=1:k
(trace(HlHi + H2H§ et HJHJT)

in

1 2 . J ,
(Amax + )\max + Amax Z L(SNR)l/]>
]n

> L(SNR)W) (5)

<2 P

j=Llk
For fixed number of layers, the sum of j traces above is the sum of squared
norms of jn? complex Gaussian random variables. Hence the j term in the
above summation is equal to P(y > jnL(SNR)Y7), where y is a Chi-squared

random variable with 2jn? degrees of freedom. We know that tail of a Chi-
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squared distribution are exponential. In other words,

_ —log P(x > jnL(SNR)'/7) . jnL(SNR)/J
lim = im L\ (
SNR—o00 log SNR SNR—oo  log SNR

D
~—

This limit equals infinity after substituting the value of L(SNR). As all the
terms in the summation in Eq. 5, the SNR exponent of that summation also
is infinite. Thus the SNR exponent of the first term in Eq. 4 is infinite. The
second term must have a finite SNR exponent, otherwise infinite diversity will
be achieved. Now choosing arbitrarily small § in Eq. 4 proves the theorem for
fixed number of layers.

Now consider the case when number of layers goes to infinity such that

: k(SNR)n loglog SNR - .
Soutage(k) = liMsNR—oo ( f:ggﬁ;g is finite®. There are two possibilities

in this case. Either the largest term of the summation in Eq. 5 is for some
finite j or it is for* j = k. If it is for some finite j, the SNR exponent of that
term is given by Eq. 6. To find the SNR exponent for the case 7 = k, we apply
central limit theorem to the sum of traces. Hence the distribution of y/vk
becomes a Gaussian with mean vkn? and variance equal to the variance of
trace(HlHJ{), denoted by 72. Thus the SNR exponent of the last term of the

summation in Eq. 5 is

—log P(x > knL(SNR)/¥)

!

SNR o log SNR

—log P (JLE —VEn? > VEnL(SNR)/F — \/En2>

p—y 1.

SNR- oo log SNR
o TP (% ~VEn? > \/EnL(SNR)l/'f)
~  SNR—oo log SNR

" 1/k
o _1OgQ(M+R))
"~ SNR— log SNR
1/k)2
~ (VEnL(SNR)YF) 0
SNR—oo  272]og SNR

3Tt turns out from Theorem 9 that no diversity is achieved any way if this limit larger than 1.
4Henceforth we use simply k for k(SNR).
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The last equality follows due to the fact that lim, ., % = 1. Comparing

Eq. 6 to Eq. 7, tells that the smallest exponent is when the 5 = k. Take the

ratio of the two SNR exponents to see this,

202 JLISNR)'Y 27 L(SNR)7 ™%

n kL(SNR)¥k — n k
272 L(SNR)*
n k

This goes to infinity as SNR goes to infinity®. Thus in the sum in Eq. 5, the

last term is the largest term i.e. the term with the smallest SNR exponent.

Another way to show this is by observing that jL(SNR)'/7 is a decreasing
sequence for large enough L(SNR). This can be shown by differentiating it
with respect to j. Using this fact, we get the following upper bound on the

sum in Eq. 5.

trace(H;H! + HoHI + -+ - + HH))
kn

P(0 > 0logSNR) < kP ( > L(SNR)l/k>

Now comparing the SNR exponent of the two sides by using Eq. 7,

. —log P(6 > dlog SNR) . —logk . (VEnL(SNR)/*)2
lim > lim + lim
SNR—o0 log SNR SNR—oo log SNR ~ SNR—oe  27210g SNR
n*  Kk(SNR)L(SNR)*/* o
T 22 SNlFleIEOO log SNR (As Soutage(k) is finite)
= 0

Last step follows by substituting the expression for L(SNR) and recalling that
Soutage(k) 1s finite. Thus Theorem 5 is true even when & goes to infinity such

that Soutage(k) is finite.

°This is because the Soutage(k) to is finite.
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Appendix D

Proof of Footnote 3 in Chapter 4

Let each source antenna transmit power P/C, instead of P. This C' denotes
a large but fixed number. Now we use the fact that all diagonal entries of a
positive semi-definite matrix are upper bounded by it largest eigenvalue. Now
recalling Eq. 4.3 with P replaced by P/C. As the maximum eigenvalue of a
sum of positive semi-definite matrices is at most the sum of their maximum
eigenvalues, the power transmitted by any relay node in jth layer is channel

state H is upper bounded by

P
Ex; [ij;]H:H] < on ])\fmj(a 20 4 +Z

C’n] H/\max T + Z nJ—it+1 H/\max

] 1.2
ni—it+1 max

IN

Let ® be such that Pr(\,, > ®) = ¢, where € is arbitrarily small. As discussed
before, the noise component has no contribution to the transmitted power.
Hence the power transmitted by any node in jth layer is lower than E‘}i with
at least a probability of (1—e¢)’. Thus if C' = K, all layers will obey the power
constraint with at least a probability of (1 — ¢€)¥. For simplifying the proof, we
make an unrealistic (and pessimistic) assumption that the network is turned
off in a fading block where the power constraint is not satisfied. Then the
network will be on almost always i.e. with probability (1 —¢)*. Also note that
this C is a fixed number, so the degrees of freedom achieved are unchanged

when SNR goes to infinity (see Eq. 4.1). This strategy can thus achieve at

least n(1 — €)* degrees of freedom.

Hence by proper choice of € (and hence C), any r < n degrees of freedom can

be achieved. In practice however, the network need not be turned off when
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the power constraint is not being satisfied. For example, all relays could scale
down the received signal little more before transmission than the usual \/n
factor. This strategy will achieve any » < n degrees of freedom. Thus having
a power constraint on each fading block does not hamper achieving all the

degrees of freedom.

However, this result is true only if the number of layers is fixed. It is not valid
when it goes to infinity as in chapters 5 and 6. It is because, (1 — €)* goes to

zero as k goes to infinity for any fixed € or (equivalently) any fixed C.
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