REAFEEBUKNSFY

'l'ohu;u University Repository

Joodoodogd

0 oodoon

[] 1126

gag 2010-03

URL http://hdl _handle_net/10097/00065943




Yo IE = & 2 W OB 8

S = 3
- v = G -
GEfE B & % 1126 8)



RRFRE

i3

IEF444E 3 B
IEFI46E 3 F
EFI494E10 H

23

HEFI494E10 A
HHFIS64F 4 A
HHFI594E 2 A
WERI624F 4
S5 4 4
S 744 1
R4 4 1
TS 6
SR8 4 J1
T2 3 A

fiL

Yo OE = # R

HERH TEFN224E 1 H 3 A4k

AW BRI

W% e

MM B A DA TR

ke TR T TR
bk T BR SR R G BGT B T s AR T
HAEAA A B TR AU T - s T

Sl A ST RS )

FCE RS DI £ v 2 — 5

YRR D7 H% BPFFER & UTREICHTE (RR614E 2 I )
B A SRR e % — s

FALKSE R BRI T Se b 4%
JLRSE KRR Sk v 7 — i

LKA S Tt X —

kAR A TR

A BB TR RHIS T3 Y & — 2 5 —J CPAL20E 3 L £ 70)
L R

Zi

IEF494E10 A a1 (ks



2 W

SERE194E 7 B International Conference on Education and Information Systems, Technol-
ogies and Applications (EISTA07) i m CH

SERI9EILA 3rd International Conference on Intelligent Information Hiding and Mul-
timedia Signal Processing kBT

SERL204E 3 ANEE BRI BCE HIEE CPRRISEI D
SERE204E10 5 IEEE International conference on Natural Language Processings and

knowledge Engineerings I B RSO
PRI T A SCHRERE KRR R R (PRABRGAETRID

SEIZHTBIE
B HHORESE TS IREMERSHMBA (B 3 F—BRI114HE)
A 1= (PR 34— R 4 48)

ANLafiest4 PR & AR AL St ) SRR (PR 4 4E — PR 6 4F)

B2 THMERBIIES) BHRER (PR 6 4 — PR 164E)

i) DREEME RS HMEA CFK 6 4 —P124E)

CFH 5 4 —BL{E)

OTICHRCEED L M ERIC LA a3 and—¥ a VY AT ADRBICH

HA WHZTEA CER 8 4 —FRL04E)

e VAT LYY LT ¢ FCGRSGE T I RALEE - BLIK LIS 45
HE CRR124E — R 1 34E)

A o AT LYY LT ¢ FISGREE Ty A7 AbASsH ) 45

CEREL34E — SR T445)

S o VAT AV LT 4 TSGR

e LI

ERR

B CRRC0%E—F

BL144F)
OB EEETN® - VAT LYY LT o« FISGHSCRES
BE134E)

A% ik

o ORI~ F

AR VAT LAY VLT o AOGHSGEREZE RS BERARR (PRI -
SFRL164E)

BT RHCRESSNH « YAF AV Y LT ¢ RUEEY  Blak CERIGE—FR174E)

93 EPKABRTAY S B CPRI0E)

; Tns s AKR CRRISE —FR164E)

2B BER
ESLAHEEARMB S vy d— SAT5U « F—3_—RMHEEE CPRI0E— T3
4E)

B AR R v P~ VAT LAEER S FRE (T 84 —FRI0%E)
EIE SO T D AMERGESHEE AR TRE CPRIYE —TFR224E)







wl

. BEL o El (AEEEST)
1. %

FFE WA (R AHND (R B8 &SRB W o BER
B BUEH -, BBIE=, WFH—, WRMSEINH, HFAF RS

TRENDS IN SPEECH RECOGNITION (W.A. LEA fi3%) (BEEHE NS
Recent Work on Speech Recognition in Japan. 483-498, Hisashi Wakita and
Shozo Makino, Sept. 1980, Prentice Hall
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Speech Science and Technology (###% Shuzo Saito) (BAFEHEME ) A
Speaker Independent Word Recognition System. 270-276, Shozo Makino and
Ken’iti Kido, Oct. 1992, Ohmsha

RECENT RESEARCH TOWARDS ADVANCED MAN-MACHINE IN-
TERFACE THROUGH SPOKEN LANGUAGE (Ed. Hiroya Fujisaki) (#
SEfEMELSY) A Japanese Text Dictation System Based on Phoneme Recogni-
tion and a Dependency grammar. 193-204. S. Makino, A. Ito, M. Endo and K.
Kido, Dec. 1996, ELSEVIER
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A Consideration on Segmentation of Spoken Words. S. ITAHASHI, S.
MAKINO and K. KIDO, HARH&E5LFE, 26, 7, 310-311, W46 7 7
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AUTOMATIC SEGMENTATION AND DISCRIMINATION OF SPOKEN
WORDS BY USE OF LEXICON. Ken'iti Kido, Shuichi Itahashi and Shozo
Makino, Proceeding of International Conference on Electrical & Electronics
Engineering, 345-353, Oct. 1970

SPOKEN WORD RECOGNITION USING WORD DICTIONARY AND
PHONOLOGICAL RULES. S. ITAHASHI, S. MAKINO, K.KIDO, Proceed-
ings of 7-th ICA, 97-100, Oct. 1971

Discrete-Word Recognition Utilizing a Word Dictionary and Phonological
Rules. SHUICHI ITAHASHI, SHOZO MAKINO and KEN’ITI KIDO, IEEE
TRANSACTIONS ON AUDIO AND ELECTROACOUSTICS, AU-21, 239~
249, June 1973

RECOGNITION OF SPOKEN WORDS BY USE OF SPECTRAL PEAKS
AND LEXICON. Ker'’iti Kido, Hisayoshi Suzuki, Shozo Makino and Takahide
Matsuoka, Proceedings of IEEE Symposium on Speech Recognition, 45-54,
Aug. 1974

SPOKEN WORD RECOGNITION BY ORDERED KEY FEATURES IN
WORDS. Makino S., Suzuki H., Kido K., Proceedings of 8th ICA, 262, Aug.
1974
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Spoken Word Recognition System for Unlimited Adult Male Speakers. Ken’iti
KIDO, Takahide MATSUOKA, Jouji MIWA and Shozo MAKINO, Transac-
tions OF IECE OF Japan, E61, 593~598, Aug. 1978

SPOKEN WORD RECOGNITION SYSTEM FOR UNLIMITED SPEAK-
ERS. Ken’iti Kido, Shozo Makino, Jouji Miwa and Yoshihiro Niitsu,
PROCEEDINGS OF THE FOURTH INTERNATIONAL JOINT CONFER-
ENCE ON PATTERN RECONGITION, 980-984, Nov. 1978

Segmentation and recognition of phonemes using gross features of the speech
spectrum and their dynamic properties. Jouji Miwa, Shozo Makino and Ken'iti
Kido, Supplement of ASA and ASJ the First Joint Meeting, Dec. 1978

Word recognition using confusion matrices for computing similarities among
phonemes. Shozo Makino, Jouji Miwa and Ken'iti Kido, Supplement of ASA
and AS]J the First Joint Meeting Dec. 1978
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Speaker-Independent Recognition of Vowels in Japanese Words Using the
Spectral Local Peaks. Kyung Tae Kim, Shozo Makino and Ken’iti Kido,
Proceedings of 2nd JAPAN-KOREA SYMPOSIUM on ACOUSTICS, 367-
373, Apr. 1983

Speaker independent word recognition system based on phoneme recognition
for a large size vocabulary. Shozo Makino, Shigeru Homma, and Ken’iti Kido,
Proceedings of 2nd JAPAN-KOREA SYMPOSIUM on ACOUSTICS, 381~
388, Apr. 1983

Recognition of consonant based on the Perceptron model. Shozoé Makino,
Takeshi Kawabata and Ken'’iti Kido, PROCEEDING OF IEEE INTERNA-
TIONAL CONFERENCE ON ACOUSTICS, SPEECH, AND SIGNAL
PROCESSING, 738-741, Apr. 1983
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A SPEAKER INDEPENDENT WORD RECOGNITION SYSTEM BASED
ON PHONEME RECOGNITION FOR A LARGE SIZE (212 WORDS)
VOCABULARY. Shozo Makino and Ken'’iti Kido, PROCEEDINGS OF IEEE
INTERNATIONAL CONFERENCE ON ACOUSTICS, SPEECH, AND SIG-
NAL PROCESSING, 17.8.1-17.8.4, Apr. 1984

Recognition of vowels in Japanese words using spectral local peaks. Kyung
Tae Kim, Shozo Makino, and Ken'iti Kido, The Journal of the Acoustical
Society of Japan(E), 5, 5, 253-262, Oct. 1984

Lexical analysis for word recognition based on phoneme-pair differences.
Shozo Makino, Hisashi Wakita, and Ken’iti Kido, Supplements of the 108-th
ASA meeting, 009~009, Oct. 1984
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Speaker independent word recognition system based on phoneme recognition
for a large size (212 words) Vocabulary. Shozo Makino, Shigeru Homma, and
Ken’iti Kido, The Journal of the Acoustical Society of Japan(E), 6 ,3, 171-
180, June 1985

RECOGNITION OF PHONEMES USING TIME-SPECTRUM PATTERN.
Shozo MAKINO and Ken’iti KIDO, Speech Communication, 5, 2, 225-237,
Feb. 1986
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PERCEPTUALLY BASED PROCESSING IN AUTOMATIC SPEECH
RECOGNITION. Hynek Hermansky, Kazuhiro Tsuga, Shozo Makino, and
Hisashi Wakita, PROCEEDINGS OF IEEE INTERNATIONAL CONFER-
ENCE ON ACOUSTICS, SPEECH, AND SIGNAL PROCESSING, 1971-
1974, Apr. 1986

PHONEME RECOGNITION IN CONTINUOUS SPEECH USING PHO-
NEME DISCRIMINANT FILTERS. Satoshi MORIAI, Shozo MAKINO and
Ken’iti KIDO, PROCEEDINGS OF IEEE INTERNATIONAL CONFER-
ENCE ON ACOUSTICS, SPEECH, AND SIGNAL PROCESSING, 2251-
2254, Apr. 1986

AUTOMATIC LABELING SYSTEM USING SPEAKER-DEPENDENT
PHONETIC UNIT REFERENCES. SHOZO MAKINO, HISASHI WAKITA,
PROCEEDINGS OF IEEE INTERNATIONAL CONFERENCE ON ACOUS-
TICS, SPEECH, AND SIGNAL PROCESSING, 2783-2786, Apr. 1986

SPEECH RECOGNITION BY USE OF WORD DICTIONARY WRITTEN IN
LINGUISTIC UNIT. Ken’iti KIDO, Shozo MAKINO, Michio OKADA,
Satoshi MORIAI and Tetsuo KOSAKA, Proceedings of Montreal Symposium
on Speech Recognition, 87-88, Sep. 1986

AUTOMATIC LABELING SYSTEM FOR LARGE SPEECH DATABASE.
Shozo Makino, and Hisashi Wakita, Proceedings of 12th ICA, A4-8-A4-8,
Sep. 1986

Recognition of stop consonants in Japanese words using local spectral peaks.
Kyung Tae Kim, Shozo Makino, and Ken'iti Kido, The Journal of the
Acoustical Society of Japan(E), 7,6, 325-334, Dec. 1986
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Speaker Independent Recognition of Spoken Words Through Phoneme
Recognition. Ken'iti Kido, and Shozo Makino, Proceedings of NATIONAL
SYMPOSIUM ON ACOUSTICS, 8-10, Aug. 1987

THE IMPROVEMENT OF VOWEL RECOGNITION IN NOISY RUNNING
CAR USING A-WEIGHTING TO FREQUENCY CHARACTERISTIC.
Shozo Makino, Tomoyoshi Acki, Naomitsu Ikeda, Hideaki Koga, and Ken’iti
Kido, Proceedings of Inter—noise 87, 1045-1048, Sep. 1987
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SHAPE ESTIMATION OF FOUNDATION CONCRETE PILES BY
ANALYZING REACTIONS OF PILE HEAD TO HUMMER-PULSE. K.
Kido, X. Gao, H. Kanai, M. Abe, S. Makino, Y. Tsukada, T. Sakai, and S.
Chiba, Proceedings of Third International Conferences on Application of
Stress—Wave Theory to Piles, 107-114, Sep. 1988

DIAGNOSIS OF LOCAL BUCKLING OF FOUNDATION CONCRETE
PILES BY ANALYZING REACTION OF PILE HEAD TO HAMMER-
PULSE. K. Kido, X. Gao, H. Kaneko, H. Kanai, M. Abe, S. Makino, Y.
Tsukuda, T. Sasaki, and S. Chiba, Proceedings of Third International Con-
ference on Application of Strss-Wave Theory to Piles, 115-122, Sep. 1988
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Analysis and recognition of Korean isolated vowels using formant frequency.
Hyun-yeol Chung, Shozo Makino, and Ken'iti Kido, The Journal of the
Acoustical Society of Japan(E), 9, 5, 810-817, Oct. 1988

On the listening tests using natural speech of 8§ Korean vowels. H-Y. Chung,
S. Makino, and K. Kido, The Journal of the Acoustical Society of Japan(E), 9,
6, 305-307, Oct. 1988

BUNSETSU-SPOTTING BASED LINGUISTIC PROCESSING FOR A
JAPANESE DICTATION SYSTEM. Shozo Makino, Akinori Ito, Yoiti Oga-
wa, Michio Okada, and Ken'iti Kido, Preprints of The Second Symposium on
Advance Man-Machine Interface Through Spoken Language, 29-1-29-10,
Dec. 1988

A TRACE-like speech perception simulation model for the recognition of
Japanese phoneme. Meinrad Niemoller, Shozo Makino, and Ken’iti Kido,
Supplement of ASA and AS] the Second Joint Meeting, U21-U21, Dec.
1988

A method for selecting an optimum phoneme sequence using a posteriori
probabilities of phonemes. Shozo Makino, Satoshi Moriai, and Ken'iti Kido,
Supplement of ASA and AS]J the Second Joint Meeting, PPP5-PPP5, Dec.
1988

Analysis, perception and recognition of isolated Korean vowels. Hyun-yeol
Chung, Shozo Makino, and Ken'iti Kido, Supplement of ASA and ASJ the
Second Joint Meeting, PPP14-PPP14, Dec. 1988

Morphemic and syntactic analysis in a Japanese dictation system. Akinori Ito,
Yoiti Ogawa, Michio Okada, Shozo Makino, and Ken'iti Kido, Supplement of
ASA and ASJ the Second Joint Meeting, PPP35-PPP35, Dec. 1988

An isolated spoken word database using CD-ROMs. Shozo Makino, Masato
Abe, and Ken'iti Kido, Supplement of ASA and ASJ the Second Joint Meeting,
PPP37-PPP37, Dec. 1988
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Preliminary investigation on shape estimation of concrete pile by vibration
analysis, Xueming Gao, Yutaka Kaneko, Hiroshi Kanai, Masato Abe, Shozo
Makino and Ken’iti Kido, The Journal of the Acoustical Society of Japan (E),
10, 1, 5-10, Feb. 1989
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A PITCH AND FORMANT FREQUENCY TRACKING SYSTEM USING A
DYNAMIC PROGRAMMING ALGORITHM BASED ON VARIOUS KINDS
OF KNOWLEDGE. Shozo Makino, Toshihiko Shirokaze, and Ken'iti Kido,
Proceedings of 13th ICA, 453-456, Sep. 1989
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LINGUISTIC PROCESSING IN JAPANESE DICTATION SYSTEM. Shozo
Makino, Akinori Ito, Mitsuru Endo, and Ken'iti Kido, Preprints of The Third
Symposium on Advance Man-Machine Interface Through Spoken Language,
25-1-25-10, Dec. 1989
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PERFORMANCE EVALUATION IN SPEECH RECOGNITION SYSTEM
USING TRANSITION PROBABILITY BETWEEN LINGUISTIC UNITS.
Takashi Otsuki, Shozo Makino, Toshio Sone and Ken'iti Kido, Proceedings of
International Conference on Spoken Language Processing, 1213-1216, Sep.
1990
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A DISTRIBUTED SPEECH DATABASE WITH AN AUTOMATIC AC-
QUISITION SYSTEM OF SPEECH INFORMATION. Shozo Makino,
Toshihiko Shirokaze, and Ken'iti Kido, Proceedings of International Confer-
ence on Spoken Language Processing, 1109-1112, Nov. 1990

A JAPANESE TEXT DICTATION SYSTEM BASED ON PHONEME
RECOGNITION USING A MODIFIED LVQ2 METHOD. Shozo Makino,
Akinori Ito, Mitsuru Endo and Ken’iti Kido, Proceedings of International
Conference on Spoken Language Processing, 241-244, Nov. 1990
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A JAPANESE TEXT DICTATION SYSTEM BASED ON PHONEME
RECOGNITION AND A DEPENDENCY GRAMMAR. Shozo Makino,
Akinori Ito, Mitsuru Endo and Ken'’iti Kido, PROCEEDINGS OF IEEE IN-
TERNATIONAL CONFERENCE ON ACOUSTICS,SPEECH, AND SIG-
NAL PROCESSING, 273-276, Apr. 1991

A Japanese Text Dictation System Based on Phoneme Recognition and a De-
pendency Grammar. Shozo MAKINO, Akinori ITO, Mitsuru ENDO, and
Ken'iti KIDO, IEICE TRANSACTIONS on Fundamentals of Electronics, E-~
74, 1773-1782, July 1991

PARSING OF SPOKEN JAPANESE SENTENCES USING THE FUNC-
TIONAL WORD PREDICTION CYK ALGORITHM. Akinori Ito, Shozo
Makino and Ken’iti Kido, PROCEEDINGS OF KOREA-JAPAN JOINT
SYMPOSIUM ON ACOUSTICS, 218-221, Aug. 1991

PHONEME RECOGNITION USING A MODIFIED LVQ2 METHOD. Shozo
Makino, Mitsuru Endo, Toshio Sone, and Ken'iti Kido, PROCEEDINGS OF
KOREA-JAPAN JOINT SYMPOSIUM ON ACOUSTICS, 56-61, Aug. 1991
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Phoneme recognition using a modified LVQZ2 method. Shozo Makino, Mitsuru
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Shozo MAKINO, Proceedings of International Conference on Spoken Lan-
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Shozo Makino, Mitsuru Endo, Toshic Sone, and Ken'iti Kido, The Journal of
the Acoustical Society of Japan(E), 13, 6, 351-360, Dec. 1992
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A FAST WORD PRE-SELECTION BASED ON SPEECH FRAGMENTS
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10

89.

90.

91.

92.

93.

94.

95.

96.

97.

98.

99.

SO IHBIESR & i\ 7o MR OHAET . KM, OYBRIERI, BOIES,
KEBEZ, BTERBEREMIGEE A, J77-A, 2, 274-281, Feb. 1994

KOREAN CONSONANT RECOGNITION USING A MODIFIED LVQ2
METHOD. Shozo Makino, Yoshiyuki Okimoto, Ken'iti Kido, Hoi Rin Kim,
and Young Ju Lee, Proceedings of Western Pacific Regional Acoustics Con-
ference, 1033-1038, Aug. 1994

Spoken Word Recognition Using Phoneme Duration Information Estimated
from Speaking Rate of Input Speech. Yukihiro OSAKA, Shozo MAKINO, and
Toshio SONE, Proceedings of International Conference on Spoken Language
Processing, 191-194, Nov. 1994

THE PERFORMANCE EVALUATION METHOD ON SENTENCE
RECOGNITION SYSTEM USING A FINITE STATE AUTOMATON.
Takashi Otsuki, Akinori Ito, Shozo Makino and Teruhiko Otomo,
PROCEEDINGS OF IEEE INTERNATIONAL CONFERENCE ON ACOUS-
TICS, SPEECH, AND SIGNAL PROCESSING, 1-397-1-400, Nov. 1994

D— I E— 710 & B BREREICBIE TIRE & U 7 2 OE. R,
BOEFIEZ, S, RAEEEEEE, 51,2, 130-132, FR T2 A

IR RHA BRI & 2l E RO - OO MR TR, Fkgil, BEFE=,
BT EHRBESERLFED-T, J78-D- 1, 3, 400-408, FH 7 3 A

A New HMnet Construction Algorithm Requiring No Contextual Factors.
Motoyuki SUZUKI, Shozo MAKINO, Akinori ITO, Hirotomo ASO and
Hiroshi SHIMODAIRA, IEICE Transactions on Information and Systems,
E78-D, 6, 662-668, June 1995

Japanese Document Recognition Based on interpolated n-gram Model of
Character. Hiroki Mori, Hirotomo Aso, and Shozo Makino, Proceedings of
Third International Conference on Document Analysis and Recognition, 274-
277, Nov. 1995

PHONEME RECOGNITION USING REFERENCE PATTERNS CON-
STRUCTED WITH DISCRIMINATIVE TRAINING AND DP-MATCH-
ING. Yoshiyuki OKIMOTO, and Shozo MAKINO, Supplement of ASA and
ASJ the Third Meeting, 100, 4, 1141-1144, Dec. 1995

ACQUISITION OF LANGUAGE MODELS BASED ON HMNET. Motoyuki
SUZUKI, Shozo MAKINO, and Hiromoto ASO, Supplement of ASA and AS]J
the Third Meeting, 100, 4, 993-998, Dec. 1995

The Performance Prediction on Sentence Recognition Using a Finite State
Word Automaton. Takashi OTSUKI, Akinori ITO, Shozo MAKINO, and
Teruhiko OHTOMO, IEICE Transactions on Information and Systems, E79—
D, 1, 47-53, Jan. 1996



100.

101.

102.

103.

104.

105.

106.

107.

108.

109.

11

Robust n-gram Model of Japanese Character and its Application to Document
Recognition. Hiroki MORI, Hirotomo ASO, and Shozo MAKINO, IEICE
Transactions on Information and Systems, E79-D, 5, 471-476, May 1996

Automatic Acquisition of Language Model using HMnet. Shozo MAKINO,
Motoyuki SUZUKI, and Atsushi HARADA, Proceedings of International
Conference on Speech Processing, 1, 47-54, Nov. 1997

THE STABILITY AND CONVERGENCE CHARCTERISTICS OF
DELAYED-X LMS ALGORITHM IN SYSTEMS. G. CHEN, T. SONE, M.
ABE, and S. MAKINO, Journal of Sound and Vibration, 216, 4, 637-648,
Aug. 1998

A Study of Noise Robustness for Speaker Independent Speech Recognition
Method Using Phoneme Similarity Vector. Masakatsu HOSHIMI, Maki
YAMADA, Katsuyuki NIYADA, and Shozo MAKINO, Proceedings of Inter-
national Conference on Spoken Language Processing, 2, 325-328, Nov.
1998

High-Speed Speaker Adaptation Using Phoneme-Dependent Tree—Struc-
tured Speaker Clustering. M. SUZUKI, T. ABE, H. MORI, S. MAKINO, H.
ASO, Proceedings of International Conference on Spoken Language Process-
ing, 6, 2299-2302, Nov. 1998

Automatic Acquisition of Phoneme Models and Its Application to Phoneme
Labeling of a Large Size of Speech Corpus. Motoyuki Suzuki, Teruhiko Mae-
da, Hiroki Mori and Shozo Makino, Proceedings of Discovery Sciences, 437-
438, Nov. 1998

HEEM HMnet VW2 BRRETFVOME. SiAdky, FH &, BEIE=,
T Al B, HEPEGEEYFEHLEED-1, J81-D-1, 12, 2695-2702, Dec.
1998

MO ELE L LAVERIERSHEESL. B AR, LA, BFES,
BAREEEALE, 6,2, 29-40, SFRIIEL A

AN AUTOMATIC ACQUISITION METHOD OF STATISTIC FINITE-
STATE AUTOMATON FOR SENTENCES. Motoyuki SUZUKI, Shozo
MAKINO, and Hirotomo ASO, PROCEEDINGS OF IEEE INTERNATION-
AL CONFERENCE ON ACOUSTICS, SPEECH, AND SIGNAL PROCESS-
ING, 2, 737-740, Apr. 1999

Wil S5 A — 5 &R Lic NOAA AVHRR M OEIHE. #54, mEps
—, WFEE, THM—, BOES, BRETERE, 28, 4, 339-318, T
1148 4 1



110.

111,

112.

113.

114.

115.

116.

117.

118.

119.

JWTY. A L7 F L% A7 NOAA AVHRR B4 b OHR oML, Y
Z—, TR, WP, ERWTEEEE 28,6, 704-711, SFRILH 6 A

FHT L ORMEETER 7 5 A7 ) V7 R BRHRMIG. BAL, IR,
BOAW, WIFES, WEILE, GFWHGEYRWLEED-T, J82-D-1,
6, 981-989, SEH1I4E 6 H

Category Extraction of NOAA AVHRR Images by Using 3 Dimensional
Histograms. Koichi KAWANO, Jun~ichi KUDOH, Shozo MAKINO,
Proceedings of the International Geoscience and Remote Sensing Symposium,
1285~1287, Aug. 1999

Cloud Elimination Method for Temporal analysis in the Far East Region with
NOAA AVHRR. Woo-hyoung Lee, Jun-ichi Kudoh, Shozo Makino,
Proceedings of the International Geoscience and Remote Sensing Symposium,
628-630, Aug. 1999

Forest Fire Detection in Far East Region of Russia by Using NOAA AVHRR
Images. Koicho KAWANO, Jun-ichi KUDOH, Shozo MAKINO, Proceedings
of the International Geoscience and Remote Sensing Symposium, 858-860,
Aug. 1999

Structural Noise Modeling for Speech Recognition. Hiroki Mori, Kiyotaka
Muraki, Motoyuki Suzuki, Shozo Makino, Hirotomo Aso, Proceedings of In-
ternational Conference on Speech Processing, 1, 135-140, Sept. 1999

Speech recognition using acoustic segment model based on Hidden Markov
Network. Takafumi Hayashi, Hiroki Mori, Motoyuki Suzuki, Shozo Makino,
Hirotomo Aso, Proceedings of International Conference on Speech Processing,
299-304, Sept. 1999

Proposition of Successor—Predictable Context and its application to large~
vocabulary continuous speech recognition. Masami Baba, Hiroki Mori, Shozo
Makino, and Hirotomo Aso, Proceedings of International Conference on
Speech Processing, 371-376, Sept. 1999

A NEW CLOUD DETECTION ALGORITHM FOR NOAA AVHRR IM-
AGERY. Woo-hyoung Lee, Jun-ichi Kudoh, and Shozo Makino, Proceedings
of IEEE Regionl10 Conference, 170-173, Oct. 1999

Automatic Phoneme Labeling System using Adaptation Methods. Yuichi Oh-
kawa, Teruhiko Maeda, Motoyuki Suzuki, Shozo Makino, Proceedings of the
Second International Workshop on East—Asian Language Resource and
Evaluation, 93-96, Oct. 1999



120.

121.

122.

123.

124.

125.

126.

127.

128.

129.

130.

131.

13

An Automatic Acquisition of Acoustical Units for Speech Recognition Based
on Hidden Markov Network. Motoyuki Suzuki, Takafumi Hayashi, Hiroki
Mori, Shozo Makino, Hirotomo Aso, Proceedings of Discovery Science, 357~
358, Dec. 1999

BN LS 7 ORI 1T < FRARBERER . BRI, BIFES, AT
ARES4EE, 15,5, 871-877, FRUI24E5 A

FEPROMC IS OB A ISR M BOL A KRB, SR
Z, WHE=, MELE, ErFdeifseamGED-1, J83-D~1, 11,
2137-2145, FHU24E11A

Automatic Determination Algorithm for the Optimum Number of States in
NL-Hmnet. Motoyuki Suzuki and Shozo Makino, Proceedings of Discovery
Sciences, 306-310, Dec. 2000

Cloud detection for the Far East region Using NOAA AVHRR images, W-H
LEE, J-1. KUDOH and S. MAKINO, International Journal of Remote Sensing,
22,7, 1349-1360, July 2001

A study on Media Retrieval using Keywords over WWW. Eiichiro Kodama,
Masatoshi Miyazaki, Motoyuki Suzuki, Shozo Makino, Proceedings of the 9th
HCI International 2001, 28-30, Aug. 2001

T HMnet (300 5 50870 RIBRO B BhipiEdt. #ok#Ez, BEFE=, &
FRSBES A, J85-D-1, 2, 193-199, P14 2 A

HMM % H\W7-#H n-gram EFNVIC X AEBETTILOBE. RY H, &
Atz WITTEE, HWAAESEEHRIEE 43, 7, 2075-2081, “FEEI4FE 7 A

HOHER W A v FRTIC L AEFFESL. KiE & =y BER
R By, REFLE=, ETHRRESFEWEE, J85-D-1I, 7, 1166~
1175, SERI44E 7 A

A Portable spoken dialog system for autonomous robots. Takashi Konashi,
Motoyuki Suzuki, Akinori Ito, Shozo Makino, Proceeding of 1st International
Workshop on Language Understanding and Agents for Real-world Interac-
tion, 79-84, May 2003

JEE CALL HiS% B9 & L7 AR ARUSREIAI & B4 L REESE 7 —
HN—ADHGE. RBMEY, WK, EA B, BARE, RIE-, i
EHl, BOFIE=, #7158 27, 3, 259-272, PRG54 6 H

Analysis of pronunciation errors in Japanese speech uttered by Korean
towards development of Japanese CALL system. Oh Pyo Kweon, Akinori Ito,
Motoyuki Suzuki, Shozo Makino, Proceedings of Oriental-~-COCOSDA2003,
185-192, June 2003



14

132.

133.

134.

135.

136.

137.

138.

139.

140.

141.

Multiple pitch candidate based music information retrieval method for query-
by-~humming. Sung-Phil Heo, Motoyuki Suzuki, Akinori Ito, Shozo Makino,
Hyun-Yeol Chung, Proceedings of 1st International Workshop on Adaptive
Multimedia Retrieval, 189-200, Sept. 2003

An Optimized Multi—duration HMM for Spontaneous Speech Recognition.
Yuichi Ohkawa, Akihiro Yoshida, Motoyuki Suzuki, Akinori Ito and Shozo
Makino, Proceedings of European Conference on Speech Communication and
Technology, 485-488, Sept. 2003

Three dimensional continuous DP algorithm for multiple pitch candidates in
music information retrieval system. Akinori Ito, Sung-Phil Heo, Motoyuki
Suzuki, Shozo Makino, Proceedings of 4th International Symposium on Music
Information Retrieval, 235-236, Oct. 2003

A Patient Care Service Robot System Based on a State Transition Architec-
ture. Yutaka Hiroi, Eiji Nakano, Takayuki Takahashi, Shozo Makino, Akinori
Tto, Koji Kotani, Nobuo Takatsu, Tadahiro Ohmi, Proceedings of the 2nd In-
ternational Conference on Mechatronics and Information Technology, 231~
236, Dec. 2003

An Evaluation Method of Japanese Pronunciation for Korean Native Speakers.
Oh Pyo Kweon, Akinori Ito, Motoyuki Suzuki, Shozo Makino, Educational
Technology Research, 27, 1, 1-8, Jan. 2004

A dialogue-based CALL system for Japanese conversation. Oh-Pyo Kweon,
Akinori Ito, Motoyuki Suzuki, Shozo Makino, Proceedings of the 18th Inter-
national Congress on Acoustics, 3, 2015-2018, Apr. 2004

Language Modeling Using Stochastic Switching N-gram. Takeshi Nagano,
Motoyuki Suzuki, Akinori Ito, Shozo Makino, Proceedings of the 18th Inter-
national Congress on Acoustics, 5, 3697-3700, Apr. 2004

Language Modeling by an Ergodic HMM based on an N-gram. Takeshi
Nagano, Motoyuki Suzuki, Akinori Ito, Shozo Makino, Proceedings of the 18th
International Congress on Acoustics, 5, 3701-3704, Apr. 2004

A spoken dialog system based on automatic grammar generation and tem-
plate—based weighting for autonomous mobile robots. Takashi Konashi,
Motoyuki Suzuki, Akinori Ito, Shozo Makino, Proceedings of International
Conference on Spoken Language Processing, 1, 189-192, Oct. 2004

Noise Adaptive Spoken Dialog System based on Selection of Multiple Dialog
Strategies. Akinori Ito, Takanobu Oba, Takashi Konashi, Motoyuki Suzuki,
Shozo Makino, Proceedings of International Conference on Spoken Language
Processing, 1, 193-196, Oct. 2004



142.

143.

144.

145.

146.

147.

148.
149.

150.

151.

15

A Japanese dialogue-based CALL system with mispronunciation and gram-
mar error detection. Oh Pyo Kweon, Akinori Ito, Motoyuki Suzuki, Shozo
Makino, Proceedings of International Conference on Spoken Language
Processing, 3, 1833-1836, Oct. 2004

Speaker Adaptation Method for CALL Systems Using Bilingual Speakers’
Utterances. Motoyuki Suzuki, Hirokazu Ogasawara, Akinori Ito, Yuichi Oh-
kawa, Shozo Makino, Proceedings of International Conference on Spoken
Language Processing, 4, 2929-2932, Oct. 2004

Comparison of Features for DP-matching based Query-by-Humming Sys-
tem. Akinori Ito, Sung-Phil Heo, Motoyuki Suzuki, Shozo Makino, Proceed-
ings of the 5th International Conference on Music Information Retrieval,
297-302, Oct. 2004

A New Segment Quantizer for Line Spectral Frequencies Using Lempel-Ziv
Algorithm, Minoru Kohata, Motoyuki Suzuki, Shozo Makino, PROCEED-
INGS OF IEEE INTERNATIONAL CONFERENCE ON ACOUSTICS,
SPEECH, AND SIGNAL PROCESSING, 1, 133-136, Apr. 2005

Fast optimization of language model weight and insertion penalty from n—best
candidates. Akinori Ito, Masashi Kohda, Shozo Makino, Acoustic Siences and
Technologies, 26, 4, 384-387, July 2005

A grammatical error detection method for dialogue—based CALL system.
Oh-pyo Kweon, Akinori Ito, Motoyuki Suzuki, Shozo Makino, Journal of
Natural Language Processing, 12, 4, 137-156, Aug. 2005

CALL :E#o5#h, BUEFIE=, B, 9,2, 16-27, FHRITES H

Pronunciation Error Detection Method based on Error Rule Clustering using a
Decision Tree. Akinori Ito, Yen-Ling Lim, Motoyuki Suzuki, Shozo Makino,
Proceedings of INTERSPEECH2005, 173176, Sept. 2005

Internal Noise Suppression for Speech Recognition by Small Robots. Akinori
Ito, Takashi Kanayama, Motoyuki Suzuki, Shozo Makino, Proceedings of IN-
TERSPEECH2005, 2685-2688, Sept. 2005

Construction Method of Acoustic Models Dealing with Various Backgroun
Noises Based on Combination of HMMs. Motoyuki Suzuki, Yusuke Kato,
Akinori Ito, Shozo Makino, Proceedings of INTERSPEECH2005, 973-976,
Sept. 2005

Lyrics Recognition from a Singing Voice based on Finite State Automaton for
Music Information Retrieval. Toru Hosoya, Motoyuki Suzuki, Akinori Ito,
Shozo Makino Proceedings of Sixth International Conference on Music Infor-
mation Retrieval, 532-535, Sept. 2005



16

153.

154.

155.

156.

157.

158.

159.

160.

161.

162.

Smile and Laughter Recognition using Speech Processing and Face Recogni-
tion. Akinori Ito, Xinyue Wang, Motoyuki Suzuki, Shozo Makino, Proceedings
of 2005 International Conference on Cyberworlds, 437-444, Nov. 2005

Automatic detection of English mispronunciation using speaker adaptation and
automatic assessment of English intonation and rhythm. Akinori Ito, Tadao
Nagasawa, Hirokazu Ogasawara, Motoyuki Suzuki, Shozo Makino, Educa-
tional Technology Research, 29, 13-23, Jan. 2006

An Effective Music Information Retrieval Method Using Three-Dimensional
Continuous DP. Sung-Phil Heo, Motoyuki Suzuki, Akinori Ito, Shozo Makino,
IEEE Transactions on Multimedia, 8, 3, 633-639, Mar. 2006

Evaluation of multiple PLSA adaptation based on separation of topic and style
words. Akinori Ito, Naoto Kuriyama, Motoyuki Suzuki, Shozo Makino,
Proceedings of 9th Western—Pacific Acoustic Conference, June 2006

Packet loss concealment of audio stream based on multiple description by
spectrum striping. Motoyuki Suzuki, Toshiyuki Sakai, Akinori Ito, Shozo
Makino, Proceedings of 9th Western-Pacific Acoustic Conference, June
2006

Lempel-Ziv 54L& AV 7o LSP Bt 7 A v FEFE. KiF 5 8K
o, SHERR, WETE=, BFHELGRESEHNEED-I, J89-D-I, 7,
1504-1513, SFEHI8ET A

Music Information Retrieval from a Singing Voice Based on Verification of
Recognized Hypothesis. Motoyuki Suzuki, Toru Hosoya, Akinori Ito, Shozo
Makino, Proceedings of International Conference on Music Information
Retrieval, 168-171, Aug. 2006

A user simulator based on Voice XML for evaluation of spoken dialog systems.
Akinori Ito, Keisuke Shimada, Motoyuki Suzuki, Shozo Makino, Proceedings
of International Conference on Spoken Language Processing, 1045-1048, Oct.
2006

Multiple Description Coding of an Audio Stream by Optimum Recovery
Transform. Akinori Ito and Shozo Makino, Proceedings of 2nd International
Conference on Intelligent Information Hiding and Multimedia Signal Process-
ing, 19-22, Oct. 2006

Unsupervised language model adaptation based on automatic text collection
from WWW. Motoyuki Suzuki, Yasutomo Kajiura, Akinori Ito, Shozo Makino,
Proceedings of International Conference on Spoken Language Processing,
2202-2205, Oct. 2006



163.

164.

165.

166.

167.

168.

169.

170.

171.

172.

17

Generating search querry in unsupervised language model adapatation using
WWW. Yasutomo Kajiura, Motoyuki Suzuki, Akinori Ito, Shozo Makino,
Supplement of fourth joint meeting of ASA and ASJ, 120, 5, 3043-3044, Dec.
2006

A phoneme duration model considering speaking-rate and linguistic features
for speech recognition. Yuichi Ohkawa, Akinori Ito, Motoyuki Suzuki, Shozo
Makino, Supplement of fourth joint meeting of ASA and AS]J, 120, 5, 3041~
3041, Dec. 2006

FEREHNE & B REROTIRIC S B L0 %8 i 7o i SR B B 7L % S e
Rk KR, PHRRN, $ANY, BIIES, WHARERHGE 47,
12, 3380-3391, “FH184F12 /4

Music Information Retrieval from a Singing Voice Using Lyrics and Melody
Information. Motoyuki Suzuki, Toru Hosoya, Akinori Ito, Shozo Makino,
EURASIP Journal on Advances in Signal Processing, 2007 (Article ID 38727),
Jan. 2007

WEREHCAEIEY 5 A8 U V70 & HRGERE BRI SR . ik
P, 4% M, ki, BOFIES, ETmEeRE S & SGED), J91-D,
2, 538-548, THLI9F 2 1

Pronunciation error detection for computer—assisted language learning system
based on error rule clustering using a decision tree. Akinori Ito, Yen-Ling
Lim, Motoyuki Suzuki, Shozo Makino, Acoustical Science and Technology, 28,
2, 131-133, Mar. 2007

Asynchronous Parallel Distributed Genetic Algorithm with Elite Migration.
Kazunori Kojima, Masaaki Ishigame, Goutam Chakraborty, Hiroshi Matsuo,
and Shozo Makino, International Journal of Computational Intelligence, 4 , 2,
105-111, Apr. 2007

A New Segment Quantization Using Lempel-Ziv Algorithm and Its Applica-
tion to Quantization of Line Spectral Frequencies. Minoru KOHATA,
Motoyuki SUZUKI, Akinori ITO, Shozo MAKINO, IEEE Transactions on
Communications, 55, 4, 661-664, Apr. 2007

Automatic Evaluation System of English Prosody for Japanese Learner’s
Speech. Motoyuki Suzuki, Tatsuki Konno, Akinori Ito, Shozo Makino,
Proceedings of 5th International Conference on Education and Information
Systems, Technologies and Applications (EISTA) 2007, 48-53, June 2007

Packet Loss Concealment of an Audio Stream by Time Domain and Frequency
Domain Multiple Description. Akinori Ito, Toshiyuki Sakai, Motoyuki Dusuki,
and Shozo Makino, Proceedings of Japan—China Joint Conference on Acous-
tics 2007, P-1-31-P-1-31, June 2007



18

173.

174.

175.

176.

177.

178.

179.

180.

181.

182.

183.

A PORTABLE SPOKEN DIALOG SYSTEM FOR AN AUTONOMOUS
ROBOT. Shozo Makino, Akinori Ito, Motoyuki Suzuki, and Takashi Konashi,
Proceedings of Japan-China Joint Conference on Acoustics 2007, SS-2-1-
S5-2-1, June 2007

Reduction Method of Side Information for Packet Loss Concealment Based on
Spectrum Striping Coding. Motoyuki Suzuki, Toshiyuki Sakai, Akinori Ito,
and Shozo Makino, Proceedings of 19th International Congress on Acoustics,
CAS-01-006-CAS-01-006, Sept. 2007

Detection and Direction Estimation of Calling Voice. Akinori Ito, Kota Kita-
date, Motoyuki Suzuki, and Shozo Makino, Proceedings of 19th International
Congress on Acoustics, CAS-03-018-CAS-03-018, Sept. 2007

Query-by-Singing/Humming systems based on speech recognition technol-
ogies. Motoyuki Suzuki, Akinori Ito, Shozo Makino, 154th Meeting of the
Acoustical Society of America, Oct. 2007

Layered Server—Client Topology for Parallel Distributed GA on Large
Problem. Kaunori Kojima, Masaaki Ishigame, Shozo Makino, Proceedings of
ACAL2007, Oct. 2007

Increasing Correlation using a Few Bits for Multiple Description Coding.
Akinori Ito, Shozo Makino, Proceedings of 3rd International Conference on
Intelligent Information Hiding and Multiple Signal Processing, Nov. 2007

NHERy MC XA EBERMOIDOPIMEIEE. La—< AV E—T
T A%ERE, R, SIERE, SAREZ, KEFIE=, 10, 1, 1-10, K
2041 J

Consideration of the Efficiency of Layered Server-Client Topology for PDGS
on Large Problem. Kazunori KOJIMA, Masaaki ISHIGAME, Shozo MAKI-
NO, Proceedings of AIA2008, Feb. 2008

Selection of Optimum Vocabulary and Dialog Strategy for Noise-Robust
Spoken Dialog Systems. Akinori Ito, Takanobu Oba, Motoyuki Suzuki, Shozo
Makino, IEICE Transactions on Information and Systems, E91-D, 3, 538-
548, Mar. 2008

Multiple description coding of an audio stream by optimum recovery trans-
forms. Akinori Ito, Shozo Makino, Journal of Digital Information Manage-
ment, 6, 2, 189-195. Apr. 2008

Unsupervised Language Model Adaptation Based on Keyword Clustering and
Query Availability Estimation. Akinori Ito, Yasutomo Kajiura, Shozo Makino,
Motoyuki Suzuki, Proceedings of International Conference on Audio, Lan-
guage and Image Processing, 1412-1418, July 2008



184.

185.

186.

187.

188.

189.

190.

191.

192.

193.

194.

19

Packet loss concealment for MDCT-based audio codec using correlation-
based side information. Akinori Ito, Kiyoshi Konno, Shozo Makino, Motoyuki
Suzuki, Proceedings of 4th International Conference on Intelligent Information
Hiding and Multimedia Signal Processing, 612-615, Aug. 2008

A Fast Speaker Adaptation Method using Aspect Model, Seongjun HAHM,
Akinori ITO, Shozo Makino, Motoyuki Suzuki, Proceedings of Interspeech
2008, 1221-1224, Sept. 2008

Discrimination of Task-Related Words for Vocabulary Design of Spoken Di-
alog Systems. Akinori Ito, Toyomi Meguro, Shozo Makino, Motoyuki Suzuki,
Proceedings of Interspeech2008, 207-210, Sept. 2008

Recognition of English Utterances with Grammatical and Lexical Mistakes for
Dialogue-based CALL System. Akinori Ito, Ryohei Tsutsui, Shozo Makino,
Motoyuki Suzuki, Proceedings of Interspeech2008, 2819-2822, Sept. 2008

Intonation Evaluation of English Utterances using Synthesized Speech for
Computer~Assisted Language Learning. Tomoaki Konno, Masashi Ito,
Motoyuki Suzuki, Akinori Ito, Shozo Makino, Proceedings of International
Conference on Natural Language Processing and Knowledge Engineering,
202-208, Oct. 2008

Performance Prediction on Sentence Recognition Using Statistical Language
Models. Takashi Otsuki, Shozo Makino, Proceedings of oriental-COCOSDA
2008, Nov. 2008

PEIES— N0 7 547 v P HETIVIC K AIERPNEFI S R 7 LT U X
L. VAT LA ERIGE 22,1, 1-12, FR214 1 A

Novel Tonal Feature and Statistical User Modeling for Query-by-Humming.
MOTOYUKI SUZUKI, TAKUTO ICHIKAWA, AKINORI ITO, SHOZO
MAKINO, IPSJ Journal, 17, 3, 95-105, Mar. 2009

Bit Rate Reduction of Mixed Excitation Linear Prediction Coder by Using
Lempel-Ziv Segment Quantization. Minoru Kohata, Motoyuki Suzuki,
Akinori Ito and Shozo Makino, Acoustical Science and Technology, 30, 2,
136-138, Apr. 2009

Fast and Robust Training of a Probabilistic Latent Semantic Analysis Model
by the Parallel Learning and Data Segmentation. Masaharu Kato, Tetsuo
Kosaka, Akinori Ito and Shozo Makino, Journal of Communication and Com-
puter, 6, 5, 28-35, May 2009

Detection of Abnormal Sound Using Multi-stage GMM for Surveillance
Microphone. Akinori Ito, Akihito Aiba, Masashi Ito, Shozo Makino, Proceed-
ings of International Conference of Information Assurance and Security,
IAS-2009-1S08-05, Aug. 2009



20

195.

196.

197.

198.

199.

200.

201.

202.

Data Hiding is a Better Way for Transmitting Side Information for MP3 Bit-
stream. Akinori Ito, Shozo Makino, Proceedings of 5th International Confer-
ence on Intelligent Information Hiding and Multimedia Signal Processing, Il
H-MSP-2009-1S17-05, Sept. 2009

Evaluation of English Intonation based on Combination of Multiple Evaluation
Scores. Akinori Ito, Tomoaki Konno, Masashi Ito, Shozo Makino, Proceedings
of Interspeech2009, Mon-Ses3-P4, Sept. 2009

Detailed Description of Triphone Model using SSS-free Algorithm. Motoyuki
Suzuki, Daisuke Homma, Akinori Ito, Shozo Makino, Proceedings of Inter-
speech 2009, Tue-Ses3-P2, Sept. 2009

Multiple Description Coding of Flash Video based on Adaptive Allocation of
DCT Coefficients. Akinori Ito, Takuya Kuraishi, Masashi Ito, Shozo Makino,
Proceedings of 2009 APSIPA Annual Summit & Conference (APSIPA
ASC2009), TA~P2-2, Oct. 2009

A Speaker Adaptation Method for Non-native Speech Using Learners’ Native
Utterances for Computer—Assisted Language Learning Systems, Yuichi Oh-
kawa, Motoyuki Suzuki, Hirokazu Ogasawara, Akinori Ito, Shozo Makino,
Speech Communication, 51, 10, 874-881, Oct. 2009

Designing Side Information of Multiple Description Coding. Akinori Ito, Shozo
Makino, Journal of Information Hiding and Multimedia Signal Processing, 1,
1, 10-19, Jan. 2010

Packet Loss Concealment for MDCT-based Audio Codec Using Correlation—
based Side Information. Akinori Ito, Toshiyuki Sakai, Kiyoshi Konno, Shozo
Makino and Motoyuki Suzuki, International Journal of Innovative Computing,
Information and Control, 6, 3, Mar. 2010

Intonation Evaluation of English Utterances using Synthesized Speech for
Computer-—assisted Language Learning. Akinori Ito, Tomoaki Konno,
Masashi Ito, Shozo Makino, Motoyuki Suzuki, International Journal of In-
novative Computing, Information and Control, 6, 3, Mar. 2010

V. OERE (BEHEkRL)

1.

SPEECH RECOGNITION BY USE OF WORD DICTIONARY WRITTEN IN
LINGUISTIC UNIT, Ken'iti KIDO, Shozo MAKINO, Michio OKADA,
Satoshi MORIAI and Tetsuo KOSAKA, Montreal Symposium on Speech
Recognition, Sept. 1986, Montreal, CANADA, 7R A



21

Automatic Acquisition of Language Model using HMnet, Shozo MAKINO,
Motoyuki SUZUKI, and Atsushi HARADA, International Conference on
Speech Processing, Nov. 1997, Seoul, KOREA, Bk

Multi~modal Communication Using Speech and Gesture Recognition, Shozo
Makino and Motoyuki Suzuki, International Symposium for the Future Infor-
mation & Communication, Nov. 2000, Taegu, KOREA, P4
FRERM L BMOA A XA WHES, EFEHRREFXEEFIIRS, PR
1146 B, AARHE, SEERT, HPRaE

oRy FEME, Ex, BT BFIEZ, #HILAFEI0EEYE I —, FRLT
8 A, HAE, HHEE, HHEE

B (A7) VAo Ry PEROBUR ETRE. BRBIEZ, EREFH
WWrdes, PRISET A, HAR, BERT, HHEERH

IT &Ry FOF LWEMPHEPERSBICR TR, B aEFEHRT
FEEYVIRY T A BITIE=, FRISEL A, AKE, BEH, 7—7vavy
WA SIS

IT 2 ORy ~OF LW s RSERFE S BRI 3 &8 — FHRME O

Zvay e REYRE

NRERE AN OB A LIS WIFIES, KBS TYHAEPIRES,
PRISE T H, AR, KRW, 7= sy 7 /KUY RP

V. EFF e

I.

Handbook of Neural Networks for Speech Processing, ¥ IE=, HAHH
ek, 57,12, 798, FRE13412H

VI. fEEL e SRS (FTH) - BERSETOSRLE. BAOHES)

1.
2.

HMEEE . KIS, BATHEY4LE, 37,5, 210-215, HERIS6E 5 A
B - BROBR LSRN, KITES, TTNHBREYAE, 73, 12,
1295-1298, FR 2 4E12A

Stk — BT MBS E T — 2 < —A. BOFES, —REMET, TRGHE, 5%
Ff—, BAREESLEE, 48, 12, 899-905, FHL 4 4E12A

Jolbk — B FHEER F— 2 N— A, WIS, A & R0, 12, 56-
59, FHL 8 412H



22

(]

2HEARIC I COBFRA. BUFIES, HHABY2EE, 41, 3, 273-276, T
124512 1

6. FEAMBEA R AV /EEREE Y AT A I, BIFIE=, WREIEML B
AEEEaEE, 59, 6, 337-344, FHISE6 A

VI £0ft (BERLE)
L



