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Abstract

In multiuser multi-antenna wireless systems, the transmission and beamforming strategies
that achieve the sum rate capacity depend critically on the acquisition of perfect Chan-
nel State Information at the Transmitter (CSIT). Accordingly, a high-rate low-latency
feedback link between the receiver and the transmitter is required to keep the latter
accurately and instantaneously informed about the CSI. In realistic wireless systems,
however, only imperfect CSIT is achievable due to pilot contamination, estimation error,
limited feedback and delay, etc. As an intermediate solution, this thesis investigates novel
transmission strategies suitable for various imperfect CSIT scenarios and the associated
beamforming techniques to optimise the rate performance.

First, we consider a two-user Multiple-Input-Single-Output (MISO) Broadcast Channel
(BC) under statistical and delayed CSIT. We mainly focus on linear beamforming and
power allocation designs for ergodic sum rate maximisation. The proposed designs enable
higher sum rate than the conventional designs. Interestingly, we propose a novel trans-
mission framework which makes better use of statistical and delayed CSIT and smoothly
bridges between statistical CSIT-based strategies and delayed CSIT-based strategies.

Second, we consider a multiuser massive MIMO system under partial and statistical
CSIT. In order to tackle multiuser interference incurred by partial CSIT, a Rate-Splitting
(RS) transmission strategy has been proposed recently. We generalise the idea of RS into
the large-scale array. By further exploiting statistical CSIT, we propose a novel framework
Hierarchical-Rate-Splitting that is particularly suited to massive MIMO systems.

Third, we consider a multiuser Millimetre Wave (mmWave) system with hybrid ana-
log/digital precoding under statistical and quantised CSIT. We leverage statistical CSIT
to design digital precoder for interference mitigation while all feedback overhead is re-
served for precise analog beamforming. For very limited feedback and/or very sparse
channels, the proposed precoding scheme yields higher sum rate than the conventional
precoding schemes under a fixed total feedback constraint. Moreover, a RS transmission
strategy is introduced to further tackle the multiuser interference, enabling remarkable
saving in feedback overhead compared with conventional transmission strategies.

Finally, we investigate the downlink hybrid precoding for physical layer multicasting
with a limited number of RF chains. We propose a low complexity algorithm to compute
the analog precoder that achieves near-optimal max-min performance. Moreover, we
derive a simple condition under which the hybrid precoding driven by a limited number

of RF chains incurs no loss of optimality with respect to the fully digital precoding case.
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1. Introduction

Wireless network continues to transform the way people communicate and access informa-
tion. The currently deployed 3G/4G wireless communication technologies has delivered
the ubiquitous high-speed mobile broadband services. Further developing 5G technolo-
gies that enable highly efficient and reliable networks will come to refine the transmission
strategies along with the corresponding beamforming designs.

Multiple-Input-Multiple-Output (MIMO) technology has become an essential compo-
nent in 3G/4G/5G wireless communication standards. Compared to Single-Input-Single-
Output (SISO), MIMO provides spatial multiplexing and diversity by employing multiple
antennas at the transmitter and receiver. In addition, multiple antennas allow the base-
station to simultaneously serve multiple users on the same time-frequency resource in
both the uplink and the downlink. To realise multiuser transmission specifically in the
downlink, perfect (i.e., accurate and up-to-date) Channel State Information at the Trans-
mitter (CSIT) is required to deal with multiuser interference as the receivers (i.e., mobile
users) are usually scattered over the service area and cannot cooperate. Yet, obtaining
perfect CSIT is challenging in practical systems and has become progressively difficult
due to the increasing number of antennas and access points in 5G.

So far, most techniques have been designed on the assumption of perfect CSIT and ap-
plied to practical scenarios with imperfect CSIT. Hence, the system performance would be
degraded to different extents due to various CSIT imperfectness. There is a clear demand
to design wireless networks accounting for imperfect CSIT and the consequent multiuser
interference. Specifically, considerable efforts have been made to devise dedicated trans-

mission and beamforming strategies for various imperfect CSIT scenarios.

1.1. Multiuser MIMO Systems

Consider multiuser Multiple-Input-Single-Output (MISO) downlink systems, which is il-
lustrated in Figure 1.1. A Base Station (BS) equipped with multiple antennas serves
a group of single-antenna users. These users can be served by Time-Division-Multiple-
Access (TDMA) or Frequency-Division-Multiple-Access (FDMA) techniques with time
or frequency sharing among users. However, single user transmission strategy (e.g., T-
DMA/FDMA) is limited by low spectral efficiency. There exist a number of technolo-
gies that the BS (i.e., transmitter) uses to simultaneously serve those users within a

time/frequency slot. To name just a few, for instance, Broadcast Channel (BC) refers
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User 1

BS

User K

Figure 1.1.: Diagram of multiuser MISO downlink system.

to that the BS simultaneously sends dedicated (i.e., private) messages to each user [1].
Interfering broadcast channel indicates that multiple BS in a cellular network simultane-
ously transmit messages to a group of users in their own cells while creating interference
to each other [2]. Multicasting refers to that the BS transmits a common message which
contains the information that all users need [3]. Multi-group multicasting indicates that
the BS transmits multiple common messages each containing the information required
by a certain group of users [4]. In this thesis, we mainly focus on broadcast channel in

Chapter 2, 3, 4, and on multicasting in Chapter 5.

1.2. Performance Metrics

To evaluate the system performance, a list of throughput metrics are of considerable
interest, including but not limited to Degree-of-Freedom (DoF), sum rate, weighted sum
rate and minimum rate. Specifically, DoF is defined as the number of interference-free
streams that the BS can simultaneously transmit at high Signal-to-Noise-Ratio (SNR).
Sum rate refers to the sum of individual data rate that each user achieves, which measures
the system performance as a whole. Weighted sum rate indicates the sum of a weighted
individual data rate of each user, which maintains various user priorities or fairness.
Minimum rate refers to the minimum individual rate out of all users which measures
the worst data rate that users can experience. We shall clarify here that the proposed
transmission strategies can be evaluated by any of aforementioned metrics. In this thesis,
we mainly focus on the sum rate metric in Chapter 2, 3, 4, and on minimum rate in
Chapter 5.

1.3. Channel Models

Channel model is a simple representation of the communication channel between the BS
and the user. The channels vary randomly, or fade, according to a statistical distribution
[5]. Fast fading refers to that the channel impulse response changes rapidly within the

symbol duration due to reflections of local objects and the motion of the objects relative
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to those objects. By contrast, slow fading refers to that the channel impulse response
remains within the symbol duration.

Let us focus on fast fading channels and briefly introduce independently and identically
distributed (i.i.d.) Rayleigh channel, correlated Rayleigh channel and finite scatterer (or
Ray-based geometric) channel. In this thesis, we mainly consider correlated Rayleigh

channel in Chapter 2, 3, and finite scatterer channel in Chapter 4, 5.

1.3.1. L.LI.D. Rayleigh Channels

Considering a MISO downlink channel, we denote the channel vector of a given user
by h € CM, where M is the number of transmit antennas. The ii.d. Rayleigh fading
channel indicates that each entry of the channel vector h is i.i.d. zero-mean unit-variance
complex Gaussian distributed, i.e., hy, ~ CN(0,1). It is also known as uncorrelated
Rayleigh channel and occurred when the antenna spacings and/or the angular spreading
of the energy at both sides of the wireless link are sufficiently large such that the various

channel correlation becomes very small and negligible [5].

1.3.2. Correlated Rayleigh Channels

When the aforementioned conditions do not hold, channel correlation can be observed.
According to [6] and [7], the Rayleigh channel correlation model can be respectively

expressed as

h = R!Y2h, (1.1)
h = UA:h, (1.2)

where h,, is the i.i.d. channel vector. R = E(hhH ) denotes the channel covariance matrix
of h and is also known as spatial correlation matrix. By operating eigen-decomposition as
R = UAUY, U consists of eigenvectors and A contains the associated eigenvalues. The
i.i.d. Rayleigh channel model can be viewed as a special case of the correlated Rayleigh
channel model when R =1.

Let us first consider a single parameter exponential correlation model [5]

1 t ... M1
R tH 1 ... M2 13)
(M=t

where ¢ denotes the transmit correlation coefficient t = |t|e/?, ¢ € [0, 2x]. In this expo-
nential model, large (small) |¢| corresponds to high (low) correlation. This single param-
eter correlation model is a special case of virtual channel representation (VCR) which is

valid for uniform linear arrays with half-wavelength spacing.
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Some works in the literature also consider a geometrical one-ring scattering model by
assuming a diffuse two-dimensional field of isotropic scatterers around the users [7]. The

correlation between the channel coefficients of antennas 1 <i4,j < M is given by
L "2 @)
— 75 ¥Y(a)(r;—r;
Rlij = 55 /GA % Dda, (1.4)

where 0 is the azimuth angle of a given user with respect to the orientation perpendicular
to the array axis. A indicates the angular spread of departure to that user. ¥(«a) =
[cos(a),sin(«)] is the wave vector for a planar wave impinging with the angle of «, A is

the wavelength and r; = [z;, yi]T is the position vector of the i-th antenna.

1.3.3. Finite Scatterer Channels

The physical finite scattering channel model has been widely used in Massive/Millimetre-
Wave (mmWave) MIMO systems [8,9]. For instance, the channels in the mmWave bands
tend to be sparse and with limited paths [10,11]. Under this model, the channel vector

from a given user is defined as

L
h = ﬁ;gl a(0)) = ﬁAg, (1.5)

where the path gain vector g = [g1,- - ,¢gr] has i.i.d. CN(0,1) entries and varies inde-
pendently across different time slots. A = [a(61),---,a(f1)] € CM*L contains L steering

vectors and ; € [0, 7] are the angle-of-departure (AoD) of [*"

path. The steering vector is
closely related to the antenna array structure, operating frequency and antenna spacing,
etc. Take uniform linear array (ULA) as an example. Under the plane wave and balanced

narrowband array assumptions, the array steering vector can be written as

a(el) _ L[l, ej27r% cos(@l)7 . ’ejQW@ cos(@l)]T’ (16)

VM

where )\ is the wavelength and d = % is the antenna spacing.

1.4. Precoding Techniques

Let us consider multiuser MISO broadcast channel and momentarily assume perfect chan-
nel state information at the transmitter (CSIT). Precoding is a processing technique that
exploits CSIT to deal with multiple streams transmission.

From the perspective of design, the precoding techniques can be categorised into non-
linear and linear methods. The non-linear precoding technique, Dirty Paper Coding (D-
PC), achieves the sum rate capacity of broadcast channel [12]. Other non-linear precoding

techniques such as Tomlinson-Harashima Precoding (THP) [13] and Vector Purturbation

20



o S

RF chain —{

analog M
N . precodef

RF chain —{

G

NN

digital
precoder

N

M

M

Figure 1.2.: Diagram of hybrid precoding method.

(VP) [14] offer very good sum rate performance.

On the other side, typical linear precoding techniques include matched precoding, zero-
forcing (ZF) and regularised-zero-forcing (RZF). Specifically, matched precoding designs
the precoder along with the channel direction, maximizing the desired signal power. ZF
projects each users signal in the nullspace of all other users’ channels to minimise the
multiuser interference. RZF strikes a balance between matched precoding and ZF, i.e.,
desired signal enhancement and interference elimination'. Matched precoding, ZF and
RZF will be detailed in Chapter 3 and 4. Generally speaking, non-linear precoding out-
performs linear precoding in terms of the performance metrics introduced in Section 1.2.
Nevertheless, linear precoding methods are of more interest due to their implementa-
tion simplicity in practical systems. In this thesis, we mainly focus on linear precoding
methods. We also develop novel precoding strategies to enable better performance.

From the perspective of implementation, the precoding techniques can be categorised
into digital precoding, analog precoding and hybrid precoding methods. Digital precoding
is realised when the BS has a dedicated radio-frequency (RF) chain for each antenna
element. The digital precoding vector (or matrix) can be arbitrarily constructed in the
complex domain CY. When the BS has multiple transmit antenna but only one RF
chain, analog precoding as in [10, 15, 16] can be implemented by analog phase shifters.
However, the analog phase shifter has only control in its phase and is subject to a constant
modulus constraint, leading to reduced precoding flexibility. When the BS has less RF
chains than the number of transmit antennas, a hybrid precoding is implemented by
a high-dimensional analog precoder using cost-efficient analog phase shifters network,
cascaded with a reduced-dimensional digital precoder [17]. The illustration of the hybrid
precoding structure is shown in Figure 1.2.

In this thesis, we mainly consider digital precoding in Chapter 2, 3, and hybrid precod-
ing in Chapter 4, 5.

! Matched precoding, ZF, RZF, THP and VP are somehow the analog at the transmitter side of the
detection based on MRC, ZF, MMSE, SIC and the sphere decoder, respectively. For more information,
please refer to [5].
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CSIT type Feedback Rate Latency
Perfect CSIT High Low
Statistical CSIT Low Low
Delayed CSIT High High
Partial/Quantised CSIT Low Low

Table 1.1.: Feedback rate and latency requirements for various CSIT types.

1.5. CSIT Types

So far, we have introduced a number of multiuser MIMO system (1.1) where the BS serves
a group of users by precoding techniques (1.4) in order to achieve certain performance
1.2. The performance of these systems and corresponding precoding techniques heavily
depends on the acquisition of CSIT. Table 1.1 shows various CSIT types and the associated
requirements on the feedback link in frequency division duplexing (FDD) systems?. In
this thesis, we mainly consider statistical and delayed CSIT in Chapter 2, partial and
statistical CSIT in Chapter 3, quantised and statistical CSIT in Chapter 4 and perfect

CSIT in Chapter 5.

1.5.1. Perfect CSIT

In FDD systems, the downlink channel is estimated by each user during the downlink
training phase and then fed back to the BS via uplink signalling. This approach requires
a high-rate low-latency feedback link between the user and the BS to keep the latter
continuously and instantaneously informed about the Channel State Information (CSI).
In time division duplexing (TDD) systems, the BS acquires CSI by uplink training and
channel reciprocity. Perfect CSIT requires accurate channel estimation and ideal channel
reciprocity.

However, obtaining high quality instantaneous CSIT represents a challenge 2, especially
in fast fading channels. In FDD systems, the feedback link suffers from error, delay,
etc. As an intermediate solution, imperfect CSIT imposes less stringent restrictions on

feedback rate and latency.

1.5.2. Statistical CSIT

Statistical CSIT refers to the second-order channel statistics, i.e., the spatial correlation
matrix R = ]E(hhH ), where h denotes the channel vector. The channel statistics can be
viewed as a sort of imperfect knowledge of the instantaneous channel. Such information is

closely related to the scattering environment and the array structure. Due to the slowly-

2While some results developed in this work can be applied to various imperfect CSIT scenarios either in
TDD or in FDD mode, we mainly focus on FDD system for clarity.

3In TDD systems, the uplink training and estimating approach is subject to antenna miscalibration and
pilot contamination, leading to an imperfect CSIT.
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varying nature of these related factors, the long-term channel statistics can be accurately
obtained via low-rate low-latency feedback and therefore easily known to the BS.

When R is rank deficient, it can be used to completely eliminate multiuser interference
by projecting the signal of each user in the nullspace of other users’ channel covariance
matrices. When R is full rank, this cannot be achieved. Nevertheless, such statistical
CSIT still works effectively in mitigating multiuser interference at finite/practical SNR
when the channels are highly correlated (but still full rank) [18].

1.5.3. Delayed CSIT

In FDD systems, the channel state has to be measured by the user and fed back to
the BS. High quality CSI can be obtained at the user side whereas the BS may acquire
this information with a delay larger than the coherence time of the channel such that
the reported CSI known at the BS is uncorrelated with the current CSI. This occurs
when the coherence time of the channel becomes short due to high mobility for example.
Nevertheless, the accurate but completely delayed/outdated CSIT has been proven very
useful in terms of high-SNR multiplexing gain [19] as well as finite-SNR data rate [20].
The scheme proposed in [19] that makes use of delayed CSIT will be revisited in Chapter
2. The accurate delayed CSIT still requires high-rate feedback but relieves the restriction
on the latency of feedback link, i.e., high-latency.

1.5.4. Partial CSIT

In FDD systems, when the channel information is quantised and then reported via a
rate-limited feedback link within the coherence time, only a partial CSI can be acquired
by the BS. Nevertheless, partial CSIT only requires a low-rate low-latency feedback link?.
In TDD systems, the BS obtains CSI by channel reciprocity. Still, only a partial current
CSIT is attainable due to antenna miscalibration and pilot contamination.

When the CSIT error variance 72 decays with SNR (P) as O(P~%) for some constant
0 < a < 1, conventional multiuser transmission strategies that the BS transmits private
messages to each user using linear precoding (e.g., ZF) achieve the sum Degree-of-Freedom
(DoF) 2« in a two-user MISO broadcast channel [21]. Such a sum DoF performance
reveals the obstacle of a family of linear precoding schemes relying on imperfect CSIT as
a — 0. For example, the sum DoF is worse than TDMA for a@ < 0.5 (i.e., a DoF of 1 is
guaranteed by TDMA even with no CSIT) and becomes interference-limited for av = 0.

To address this issue and tackle the residual interference, a Rate-Splitting transmission
strategy was recently proposed in to achieve better sum DoF than conventional single-
user /multiuser transmission strategies [21]. More technical details of RS will be given in
Section 1.7.4.

4Partial delayed CSIT has the least restriction on feedback rate and latency, i.e., low-rate high-latency.
Such CSIT scenario is not covered in this thesis.
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1.6. Mathematical Tool

To solve the problems formulated in this thesis, a number of mathematical tools are
required, including but not limited to matrix analysis, probability integrals, optimization
techniques and deterministic equivalent of large dimensional random matrix. We here
briefly describe convex optimization technique and deterministic equivalent. For more

information, please refer to [22], [7,23] and references therein.

1.6.1. Convex Optimization

Convex optimization is a special class of mathematical optimization problems which typ-
ically includes least-squares and linear programming problems. Typically, the convex

optimization problem is written as [22]

minimise  fo(x) (1.7)
subject to  fi(x) <b;, ,i=1,---,m (1.8)

where the functions fy,- -, fn, are convex, i.e., satisfy
filde + (1= Ny) <Afi(x) + (1= Nfily), YA€0,1]. (1.9)

After interior-point methods was developed to efficiently and optimally solve convex
optimization problem, the convex optimization technique can be applied to a large class
of problems such as semidefinite programming (SDP), second-order cone programming
(SOCP), quadratically constrained quadratic programming (QCQP), etc.

For non-convex problems, obtaining the optimal solution is a NP-hard problem. Some
of these problems can be approximated in a relaxed or conservative manner as a convex
problem. Then, the optimal solution of the approximated/relaxed problem is subopti-
mal but may be a good candidate to the original problem. The semidefinite relaxation
(SDR) [3] and successive convex approximation (SCA) [24] are two examples of such

relaxation/approximation techniques.

1.6.2. Deterministic Equivalent

In the well-established field of large dimensional random matrix theory, deterministic
equivalent (DE) approach is a very powerful tool to provide accurate deterministic ap-
proximations of random quantities. DE approach plays a significant role in 5G wire-
less networks, where the number of antennas and access points increases dramatically.
DE can be used to compute some key system performance metrics, for example, the
Signal-to-Interference-and-Noise-Ratio (SINR) of large dimensional antenna array MISO
systems [7].

The DE of a sequence of random quantities is defined as [25]
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Definition 1. The deterministic equivalent of a sequence of random complex values

(Xar)ar>1 s a deterministic sequence (X pr)ar>1, which approzimates Xy such that

M—oo

Xy — Xy — 0, (1.10)

almost surely.

Let us first review two basic results on large-dimensional random vectors that will be

useful afterwards.

Lemma 1.1. [26, Lemma 4] Let A € CM*M pe yniformly bounded spectral norm w.r.t.
M and x,y ~ CN(0,15) be mutually independent of A. Then, we have almost surely
that

MXHAX—M#/’(A) =70, (1.11)
1 0o
< Ay M=o, (1.12)

For more results on deterministic equivalent, please refer to [7, Theorem 1, Lemma 6,

Lemma 7], [23] and references therein.

1.7. Literature Review

In multiuser MISO BC, schemes that achieve the sum rate capacity and the capacity region
require perfect (i.e., accurate and instantaneous) CSIT [27-30]. However, perfect CSIT
is hardly achievable in practice due to feedback delay, limited feedback overhead [31] and
channel estimation errors [5]. CSIT imperfection is therefore a major obstacle for MIMO
systems to realise its spectral and energy efficiency benefits. There have been plentiful
efforts in designing transmission strategies and beamforming techniques to overcome the
detrimental effects of various imperfect CSIT. In what follows, we revisit what have been

done in this direction and analyse their strengths and weaknesses.

1.7.1. Transmission Strategies with Statistical CSIT Only

The transmit beamforming scheme driven by statistical CSIT is denoted as Statistical
Beamforming (SBF'). Recently, SBF precoded by Generalised Eigenvector (GE) has been
shown to maximise the ergodic sum rate at high SNR for M-user M-transmit-antenna
MISO BC when M = 2 [6] or M — oo [32]. Nevertheless, the optimal precoder for
the general M > 2 case is still unknown. With only statistical CSIT, there has been
no investigation on maximising the ergodic sum rate for two-user, arbitrary M-transmit-

antenna case.

25



1.7.2. Transmission Strategies with Delayed CSIT Only

When the CSIT is completely outdated, it was proved to still benefit the multiplexing
gain (or DoF). In K-user K-transmit-antenna MISO BC, it was shown by M. Maddah-Ali
and D. Tse in [19] that one can achieve a total DoF of

K
K 1
dk=1%
per second per Hz in this channel. In other words, we can achieve a sum rate that scales
with SNR as

(1.13)

—x 710282 SNR+O(1) bits/s/Hz. (1.14)
k=1%

Take two-user (K = 2) as an example. The sum DoF of % can be achieved by the
transmission scheme proposed in [19] (known as MAT scheme). Let us revisit MAT in the
two-user MISO BC to understand how the delayed CSIT is useful. Denote the channel
between the BS and user A in time slot ¢ as hy; and similarly g; for user B. The MAT
transmission scheme is expanded into three slots. The transmitted signals x;, € CX in

time slot ¢ are given by

X1 = sp (1.15)
X3 = sp (1.16)
T
xs = [alfsathdls, O (1.17)
where s, = [sg1,Ske]” represents the two private symbols intended to user k = A, B.

h¥ sp and gif s, are the interference overheard by user A in slot 1 and user B in slot 2,
respectively. At time slot 1 (2), the BS transmits two private symbols intended to user
A (B), which creates interference to each other. At time slot 3, the BS has the channel
knowledge g1, ha. Thus, the BS can reconstruct and retransmit the overheard interference

using single antenna. The received signal at user A is described as

Y1 h{{ 0 ny
vl =| 0 |sa+ | hil |sp+ |nof, (1.18)
ys] LWt W5y hyf ns
~— —
rank = 2 rank = 1

where n; is Gaussian additive noise. Eq. (1.18) can be further arranged as

Y1 _ h{{
Y3 h§1g{{

which is a two-dimensional independent interference-free observation of s, obtained at

SA + iy
ns 3172

" ] : (1.19)

user A. It implies that we can successfully decode two independent messages for user A
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within three time slots and likewise two independent messages for user B. Therefore, the
total/sum DoF of % is enabled by MAT scheme.

In a nutshell, the main idea of MAT scheme is to exploit delayed CSIT to align the
overheard interference into a one-dimensional subspace. By doing so, the interference is
eliminated without affecting the dimension of the useful signals. For K > 2 case, please
refer to [19] for more details.

Interestingly, the interference alignment can be operated in a different manner. An al-
ternative MAT (AMAT) transmission scheme was proposed in [33] where the transmitted

signals x; are given as

X] = sS4 + sp (1.20)
xo = [hifsp, 0]" (1.21)
x3 = [gifsa, 0], (1.22)

In contrast to MAT, AMAT transmits two private symbols s 4 to user A and two private
symbols sp to user B in a superimposed manner. Then, the overheard interference of
user A and B at time slot 1 will be reconstructed and retransmitted in time slot 2 and 3,
respectively. It is easy to verify that this variant of MAT alignment can achieve the same
sum DoF as MAT. Please refer to [33] for further details. When it comes to finite SNR
rate, the work [34] generalised the MAT as GMAT and achieved a higher data rate by
constructing precoders which strike a balance between desired signal enhancement and

interference alignment.

1.7.3. Transmission Strategies with Statistical and Delayed CSIT

Consider a two-user MISO BC with multiple antennas at the BS. With both statistical
and delayed CSIT at hand, authors in [20] developed an enhanced MAT strategy, denoted
as VMAT, yielding a higher sum rate than the original MAT at finite SNR. However, in
highly-correlated channel, the rate performance of VMAT is still inferior to SBF which
exploits only statistical CSIT [20]. In brief, statistical channel information is not fully
exploited. In this thesis, we fill the gap between what has been achieved and what can
be achieved with both statistical and delayed CSIT.

1.7.4. Transmission Strategies with Partial CSIT Only

In realistic wireless communication systems, only partial CSIT is acquired by the BS due
to limited feedback® or channel estimation error. The downlink channel of user k can be
mathematically modelled as

h; = hy, + hy, (1.23)

® The up-to-date results in [35] show that the downlink channel can be effectively inferred from the uplink
channel (i.e., channel reciprocity in FDD mode). Then, the proposed techniques in [35] can potentially
eliminate the channel feedback. Yet, the CSIT inference is still subject to channel estimation error.
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where ﬁk is the imperfect estimate of the true channel h; at the BS and flk denotes
the channel estimation error. The imperfect channel estimate can partially eliminate
multiuser interference and enable partial DoF, as explained below. We denote transmit
power by P and assume unit noise power. Without loss of generality, we suppose that the
CSIT error ||hy||? scales as O(P~%) for o € [0, 1]. It is worth highlighting that « relies on
various practical interpretations, e.g., the number of feedback bits in FDD systems [36,37]
and Doppler process of the fading in time correlated channels [33, 38].

Consider a multiuser MISO BC with the conventional multiuser transmission strategy,
the BS transmits dedicated/private messages to each user. The transmitted signal vector
x is expressed as the superposition of statistically independent signals x;, € CM destined

to K users, i.e.,
K
X = Zxk, (1.24)
k=1

Based on the channel estimate, the BS performs the linear precoding such as ZF

~

X € Nuﬂ([fll,...,ﬁk_l,ﬁk+1,...,hK]H) (1.25)

and uniform power allocation across users, yielding a received signal given by

o(PY) O(P1==)

O(P%)

A~ ~

ye =hi'xp + B ) x5 + Ty (1.26)
J#k

which contains residual multiuser interference terms flkH Xj, Vj # k. The interference
power scales as O(P'~%) by following the CSIT error scaling. The additive noise is
independent of signal strength and thus the noise power does not scale with P, i.e.,
O(PY). Then, the SINR scales as O(P%) and it follows that the achievable rate of user k
at high SNR can be written as Ry = alogy(SNR) + O(1). Intuitively, only a fraction «
of signalling dimension is accessible by user k due to the residual multiuser interference.
Moreover, a = 1 implies perfect CSIT in the sense of DoF, as the multiuser interference
that scales as O(PY) can be drawn by the noise. By contrast, a = 0 implies no CSIT in
DoF sense as the desired signal is drawn by the residual interference.

Then, the sum DoF achieved by ZF based on partial CSIT is given by Ka. Take a
two-user (K = 2) MISO broadcast channel as an example, the sum DoF 2« is worse than
single-user transmission strategy (e.g., TDMA) for o < 0.5. It is worth noting that the
latter enables a DoF of 1 even with no CSIT. Moreover, we note that in order to access

the fraction « of signalling dimension, partial transmit power P% enables the same DoF

of a, i.e.,
o 0
o(P*) _ o(r?) 0(P9)
ve = hilx, + b ) " x; + (1.27)
i#k
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Naturally, there must exist a general transmission strategy that makes better use of partial
CSIT and full transmit power to achieve higher sum DoF (i.e., at least a sum DoF of 1
for arbitrary CSIT quality).

To this end, a Rate-Splitting (RS) transmission strategy was recently proposed® [33,
Lemma 2], [21]. Specifically, we can split one selected user’s signal (e.g., user k) into a
common part (x.) and a private part (x;). Then, the private signals (x;j;) intended
to other users and the private signal x;, are designed according to (1.25) by using partial
transmit power P* as (1.27). The common signal x. is broadcasted to all users using
the residual transmit power P — P®. Following this design, the transmitted signal is

constructed as

K
X :xc—l—Zxk, (1.28)
k=1

and the received signal of user k writes as

o(PYy  OoP%) O(P%) 0
— = — = — O(P?)
yr = hilx, + hilx; + thZXj + “ng . (1.29)
J#k

At the user side, the common signal x. is decoded by treating all private signals as
noise. The received signal power of x. scales as O(P!) due to P — P% ~ P at high SNR
for @ < 1. Then, x. can be decoded by all users with a SINR that scales as O(P1~%),
resulting in a DoF of 1 — «. While x,. is not required by all users, it has to be decoded
by all users such that the users can decode their own private signals after removing x.
from the received signal. The SINR of x;, is akin to (1.27) and scales as O(P?), leading
to a DoF of a. For convenience, the conventional transmission strategy shown in (1.24)
is referred to as No-RS strategy. Thus, the DoF from private signals transmission in RS
with partial power remains the same (K«) as the conventional No-RS strategy. The RS
transmission strategy achieves a DoF gain of 1 — «, enabling a sum DoF of 1+ (K — 1)a.

The benefits of RS can be extended from high-SNR DoF region to finite-SNR rate
region. When the CSIT error variance is fixed (i.e., & = 0), linear precoding techniques
with uniform power allocation lead to multiuser interference, which ultimately create a
rate ceiling at high SNR [36]. To circumvent this problem, one can adaptively tune the
power allocation parameters among users as a function of SNR hence obtaining a single
user transmission at extremely high SNR. Such an adaptive per-user power allocation
bridges in a continuous manner the single-user mode and the multiuser mode.

By contrast, RS can provide a rate performance beyond just operating the adaptive

per-user power allocation. By optimising the transmit beamformer and power allocation

SIn [33], the authors characterised the optimal DoF region of a two-user MISO broadcast channel with
a mixture of imperfect current CSIT and perfect delayed CSIT. The corner points (1,«) and («, 1)
of the DoF region can be achieved with the Rate-Splitting approach, which does not exploit delayed
CSIT and is applicable to the scenarios with only imperfect current CSIT.
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parameters for both RS and conventional multiuser transmission strategy, RS shows sig-
nificant sum rate gain over the conventional baseline at finite SNR [39]. In the context
of a two-user MISO broadcast channel with quantised CSIT, [37] has also validated the
rate benefits provided by RS over conventional multiuser transmission strategy. However,
both the optimisation method proposed in [39] and the analysis in [37] can hardly be

extended to massive MIMO systems.

1.7.5. Transmission Strategies with Partial and Statistical CSIT

As discussed before, the feedback overhead to obtain high quality CSIT is unaffordable
in massive MIMO systems. When it comes to designing precoders on the basis of reduced
CSI feedback, a two-tier precoder relying on both short- and long-term CSIT has been
proposed by several authors [40-47]. The dimensionality reduction offered by the two-
tier precoder was shown to be very beneficial to multiuser MIMO in deployments with
spatially correlated fading [40,41]. This precoder structure also made its way to realistic
systems as IEEE 802.16m and LTE-A [42,43].

Consider a multiuser massive MIMO system. When users are clustered into groups
according to the similarity of their channel covariance matrices, [44] proposed a two-tier
precoding approach to achieve massive-MIMO-like gains with highly reduced-dimensional
CSIT. More precisely, the outer precoder controls inter-group interference based on long-
term CSIT (the channel covariance matrices) while the inner precoder controls intra-
group interference based on short-term effective channel (the channel concatenated with
the outer precoder) with a reduced-dimension. This precoding scheme is referred to as
Joint Spatial Division and Multiplexing (JSDM). The finding of [44] has been generalised
into multi-polarised system [45], where antenna polarisation can be regarded as long-term
CSI and used to further reduce the signalling overhead for CSIT acquisition. The work
[46] proposed a SLNR-based outer precoder design and [47] developed a low complexity
iterative algorithm to compute the outer precoder.

However, the system performance of the aforementioned two-tier precoding schemes is
highly degraded by two limiting factors: inter-group and intra-group interference. When
the eigen-subspaces spanned by the dominant eigenvectors of groups’ spatial correlation
matrices severely overlap, the outer precoder design may leak power (inter-group inter-
ference) to unintended groups. A typical example of overlapping eigen-subspace is that of
users in different groups sharing common scatters. Furthermore, randomly located users
are not naturally partitioned into groups with the same covariance matrix. When user
grouping techniques (e.g., K-mean clustering) are applied, the inter-group interference
cannot be completely eliminated by the outer precoder [48]. In addition, the reduced-
dimensional effective CSIT might be imperfect due to limited feedback, which leads to
intra-group interference.

There has been no investigation on how to deal with the problem of imperfect user
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grouping and imperfect CSIT and to further enhance the system performance. Inspired
by the fact that RS can effectively tackle multiuser interference, we can get some insights
and develop novel transmission strategy to cope with the problem of inter-group and

intra-group interference.

1.7.6. Beamforming Strategies with Quantised CSIT Only

Millimetre wave communication has been recognised as a promising technology in 5G
cellular network for its large transmission bandwidth [49,50]. To compensate the severe
pathloss of mmWave link, large-scale antenna array is needed to provide high precoding
gains [51]. However, the prohibitive cost and power consumption of RF chains (i.e., mixed-
signal components) at mmWave bands makes the fully digital precoding infeasible. To
tackle this RF hardware constraint, a hybrid precoding transceiver architecture has been
recently proposed, where the large-scale antenna array is driven by a small number of RF
chains [8]. The hybrid precoder is implemented by a high-dimensional RF beamformer
using cost-efficient analog phase shifters, cascaded with a reduced-dimensional digital
precoder [52].

Considering single user MIMO systems, the hybrid precoder is designed to approach
the performance of fully digital precoder by solving a matrix factorisation problem [53].
When it comes to multiuser MIMO systems, [54] maximised the sum rate by iteratively
optimising the analog and digital precoder until convergence. The work [55] analysed
the rate performance in the large array regime for a given hybrid precoder design. Fur-
thermore, [56] considered a partially-connected phase shifter networks. All these works
determined the hybrid precoder assuming perfect full dimensional CSIT.

In practical mmWave systems, only partial CSIT is attainable through channel esti-
mation [57,58] and quantisation. With limited feedback, [17] proposed a low complexity
hybrid precoding approach based on a two-stage feedback scheme. The analog precoder
(or equivalently, RF beamformer) is designed to maximise the desired signal power of each
user by beam search and feedback. Then, the digital precoder depends on the random
vector quantisation (RVQ) and feedback of the effective channel (the channel concate-
nated with the RF beamformer). This hybrid precoding method relying on two-stage
feedback requires a complicated signalling and feedback procedure. So far, there has been
no investigation on how to simplify the signalling and feedback procedure while maintain-
ing the rate performance. Moreover, the multiuser interference is still a limiting factor for
mmWave systems and leads to a performance degradation. To alleviate this issue, a rate
splitting transmission strategy was recently proposed in [21]. The benefit of RS in the

context of multiuser mmWave systems with hybrid precoding has never been investigated.
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1.7.7. Beamforming Strategies for Multicasting with Perfect CSIT

Wireless multicasting has been emerging as a key enabling technology to efficiently address
the overwhelming traffic demands (e.g., popular video delivery to a number of mobile
devices) in 5G cellular networks. The optimisation problem of transmit beamforming
for quality-of-service (QoS) requirements and for max-min fairness was proved to be NP-
hard [3]. This NP-hard optimisation problem can be approximated by a convex SDP
problem using a SDR relaxation [3]. However, the solution of the relaxed problem is not
always feasible for the original problem. To address this issue, several iterative algorithms
were proposed in [59-61]. In order to facilitate applications for real-time systems, [62]
proposed a non-iterative and simple-yet-effective linear precoding strategy. Furthermore,
the problem of multicasting was extended to multiple co-channel groups [63], per-antenna
power constraint [64,65] and massive MIMO deployments [66], respectively.

With perfect CSIT, all the aforementioned works assume digital precoding which re-
quires a dedicated RF chain for each antenna element at the BS. Unfortunately, such
a requirement is very costly and therefore unrealistic for massive MIMO systems (cor-
responding to a large number of RF chains) and mmWave MIMO systems (due to ex-
pensive mmWave mixed-signal components). To address this issue, hybrid analog/digital
precoder is typically used. A very recent work [67] applied hybrid precoder into physi-
cal layer multicasting. However, the authors computed the hybrid precoder as a sparse
weighted combination of predefined vectors and minimised the ¢;-norm of the weights,
rather than solving the original problem of minimising the transmission power under the
QoS constraints. So far, even with perfect CSIT, there has been no investigation on the

max-min fairness of hybrid precoding multicasting.

1.8. Summary of Contributions

We depart from the analysis in literature review and propose novel transmission and
beamforming strategies to enhance the system performance. A summary of main contri-

butions of each chapter is given as follows.

e Chapter 2: A Novel Transmission Strategy for Two-User MISO Broad-
cast Channel with Statistical and Delayed CSIT

We focus on linear beamforming design and power allocation scheme for ergodic
rate maximisation in a two-user MISO system with statistical and delayed CSIT.
Firstly, with statistical CSIT only, we focus on statistical beamforming (SBF) de-
sign that maximises a lower bound on the ergodic sum rate. Secondly, relying on
both statistical and delayed CSIT, an iterative algorithm is proposed to compute
the precoding vectors of Alternative MAT (AMAT), which maximises an approx-
imation of the ergodic sum rate with equal power allocation. Finally, we propose
a transmission strategy, denoted as Statistical Alternative MAT (SAMAT), which
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exploits both channel statistics and delayed CSIT. Via proper power allocation, the
SAMAT framework is proposed to softly bridge between SBF and AMAT at any

SNR in arbitrary spatial correlation condition.

Chapter 3: A Novel Transmission Strategy for Multiuser Massive MIMO
System with Partial and Statistical CSIT

To tackle the detrimental effects of partial CSIT and resultant multiuser interfer-
ence, a Rate-Splitting (RS) approach has been proposed recently, which splits one
selected user’s message into a common and a private part, and superimposes the
common message on top of the private messages. The common message is drawn
from a public codebook and decoded by all users. We generalise the idea of RS
into the large-scale array regime. By further exploiting the channel second-order
statistics, we propose a novel and general framework Hierarchical-Rate-Splitting
(HRS) that is particularly suited to massive MIMO systems. HRS simultaneously
transmits private messages and two kinds of common messages that are decoded by
all users and by a subset of users, respectively. We analyse the asymptotic sum rate
of RS/HRS and optimise the precoders of the common messages. A closed-form
power allocation is derived which provides insights into the effects of various system

parameters.

Chapter 4: A Novel Multiuser Millimeter Wave Beamforming Strategy
with Quantised and Statistical CSIT

In multiuser mmWave systems, hybrid analog/digital precoding is typically em-
ployed. To compute the hybrid precoder, the conventional two-stage feedback
scheme determines the analog beamformer by beam search and feedback to max-
imise the desired signal power of each user. The digital precoder is designed based
on quantisation and feedback of effective channel to mitigate multiuser interference.
Alternatively, we propose a one-stage feedback scheme which effectively reduces the
complexity of the signalling and feedback procedure. Specifically, the second-order
channel statistics are leveraged to design digital precoder for interference mitigation
while all feedback overhead is reserved for precise analog beamforming. Under a
fixed total feedback constraint, we investigate the conditions under which the one-
stage feedback scheme outperforms the conventional two-stage counterpart. More-
over, a rate splitting (RS) transmission strategy is introduced to further tackle the
multiuser interference and enhance the rate performance. Consider (1) RS precoded
by the one-stage feedback scheme and (2) conventional transmission strategy pre-
coded by the two-stage scheme with the same first-stage feedback as (1) and also
certain amount of extra second-stage feedback. We show that (1) can achieve a
sum rate comparable to that of (2). Hence, RS enables remarkable saving in the

second-stage training and feedback overhead.
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e Chapter 5: A Novel Hybrid Precoding Strategy for Physical Layer Mul-
ticasting with Perfect CSIT

We investigate the problem of hybrid analog/digital precoding for multicasting with
a limited number of RF chains. Considering a total transmit power constraint over
the RF chains, the goal is to maximise the minimum (max-min) received SNR among
all users. We propose a low complexity algorithm to compute the RF precoder
that achieves near-optimal max-min performance. Moreover, we derive a simple
condition under which the hybrid precoding driven by a limited number of RF

chains incurs no loss of optimality with respect to the fully digital precoding case.

e Chapter 6: Conclusion and Future Work

We summarise the thesis, discuss its findings and contributions and also outline a

number of directions for future research.
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1.10. Notations

The following notations are used throughout the thesis. Bold lower case and upper
case letters denote vectors and matrices, respectively. The notations [X];,[X];;, X7,
X tr(X), det(X) denote the i-th column, the entry in the i-th row and j-th colum-
n, the transpose, conjugate transpose, trace and determinant of a matrix X. We use
Span(X) and Null(X) to denote the column space and null space of X. Apax(X) and
Amin(X) indicate the largest and smallest eigenvalues of a matrix and their correspond-
ing eigenvectors are denoted by Umax(X) and umin(X), respectively. Let ®pp = {X €
CM*M X is positive definite}. I is the identity matrix and 1; is the i-th column of I.
The notation diag(-) stands for a diagonal matrix whereas E(-) is the expectation op-
erator. The lp-norm and ls-norm of x are denoted by ||x||p and ||x||, respectively. We
denote Exp(c) as the exponential distribution with parameter ¢ and U (a, b) as the uniform

distribution.
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2. A Novel Transmission Strategy for
Two-User MISO Broadcast Channel
with Statistical and Delayed CSIT

In this chapter, we consider a two-user MISO BC with statistical and delayed CSIT. We
propose a novel and general transmission framework, denoted as SAMAT, which smoothly
bridges the gap between sum rate achieved by statistical CSIT strategies and by delayed
CSIT strategies. Specifically, we focus on precoder design and power allocation scheme
to enhance the ergodic sum rate in a two-user MISO system.

The transmission strategies with statistical CSIT, denoted as statistical beamforming
(SBF), have been reviewed in Section 1.7.1. The transmission strategies with delayed C-
SIT, denoted as MAT/AMAT, have been reviewed in Section 1.7.2. When both statistical
and delayed CSIT are attained at the BS, the transmission strategy (VMAT) has been
briefly discussed in 1.7.3. It is worth noticing that the rate performance of VMAT is still
inferior to SBF which exploits only statistical CSIT [20] in highly-correlated channels. In
other words, the benefits of statistical CSIT is not fully extracted by [20]. In this chapter,
we fill the gap between what has been achieved and what can be achieved with both
statistical and delayed CSIT.

2.1. System Model

Consider a MISO BC where the transmitter equipped with M antennas (M > 2) wishes
to send private messages to two users each with a single antenna. Perfect CSI is instan-
taneously available at the user side whereas the BS acquires an outdated version of this
information. Statistical CSIT characterised by the spatial correlation matrix is assumed
at the BS. This is a reasonable assumption because long-term channel statistics are more
related to the scattering environment and independent of the transmission period.
Rayleigh fading channel model is considered, which implies that the spatial statistics
can be completely depicted by the second-order moments of the channel [6]. Specifically,
we denote the channel between the transmitter and user A in time slot j as h; and

similarly g; for user B

g = R/’ Suw.js (2.2)
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where h,, ; and g, ; are Mx1 vectors with i.i.d. CN(0,1) entries. They are assumed
constant within one time slot and varying independently across time slots. R4 and Rp
are full rank positive definite covariance matrices' for user A and B respectively, which
can be decomposed as Ry = VkAkV,?, k= A,B. V;, € CMXM ig 5 unitary matrix whose
columns are eigenvectors of Ry, while the diagonal Ay that contains the eigenvalues of Ry,
is normalised as tr(Ag) = M. Ay = I indicates the k-th channel is spatially uncorrelated
while rank(Aj) = 1 implies it is fully correlated [68].

Let us first investigate the statistical CSIT only transmission strategy (i.e., SBF) in
Section 2.2. Then, we discuss the delayed CSIT transmission strategy (i.e., AMAT) in
Section 2.3. Last, we proceed to elaborate the new transmission strategy SAMAT in
Section 2.4.

2.2. SBF Strategy

In this section, we address the statistical precoding problem of a two-user M-transmit-
antenna system by maximising the ergodic sum rate. Recently, SBF with Generalised
Eigenvector (SGEBF) has been shown to maximise the ergodic sum rate at high SNR for
M-user M-transmit-antenna MISO BC when M = 2 [6] or M — oo [32]. Nevertheless,
the optimal precoder for the general M > 2 case is still unknown because of a lack
of closed-form ergodic sum rate expression. In [18], the Generalised Eigenvector (GE)
solution is arrived based on ergodic Signal-to-Leakage-and-Noise Ratio (SLNR), which
leverages independence between the numerator and the denominator of SLNR. We will
focus on addressing the original ergodic sum rate problem.

The transmitted signal of SBF writes as

X =/pWs,++/pdsg, (2.3)

where p = g, w and q are the unit norm precoding vectors of user A and B, respectively.
For simplicity, we will look at the rate performance of user A only and a similar derivation
can be easily extended to user B. The received signal at the receiver side is given as
y=/phflws,+./phfqss+n,, where h € CM is the channel vector and n, ~ CN(0,1)
is the standard complex additive white Gaussian noise (AWGN). The achievable ergodic
rate of user A is given by

R, = E[log, (1 4+ SINR,)], (2.4)

hf w|?
where SINRA = %

INR) by treating the multi-user interference as noise. Consequently, the ergodic sum rate

is the instantaneous signal-to-interference-and-noise ratio (S-

of the system with linear beamforming is Rqum 2 R,+ Ry.

! For rank deficient case, the symbol intended to user i is simply precoded by a column vector in Null(R;).
By doing this, the overheard interference of each symbol can be completely removed. Thus, we can
transmit two symbols at one time instant, achieving a sum DoF of 2 as if we have perfect CSIT.
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Theorem 2.1. For any M, the ergodic sum rate of SBF in a two-user MISO broadcast
channel at high SNR can be lower bounded by

(2.5)

R, AR
Rsum 2 10g2 <W avd Bq> )

wiR;w q’R,q

and the precoders that maximise the lower bound in (2.5) are generalised eigenvectors
(GE) given by
_ -1 _ —1
Wep = uma:E(RB RA)7 Qce = umam(RA RB)- (26)

The corresponding lower bound of the ergodic sum rate is

Rum, = logy (x(R5'R.,)) = logy (x(R;'R;)), (2.7)
where x(+) = % is the condition number.
Proof. A detailed proof is relegated in Appendix A.3. O

A special case of (2.7) (when the two users share the same set of statistical eigenmodes
but orthogonal dominant eigenvectors and M = 2) is confirmed by [18, Corollary 2]. In
the low SNR regime where the interference can be completely ignored, the optimal choice
is to send along the dominant statistical eigen-mode of the user’s own channel [69]. At
intermediate SNR, however, [6] has shown the difficulty of finding a closed-form expression
of the optimal precoders even for M = 2 case. Instead, it is solved by an exhaustive search
operated upon a linearly combined high- and low-SNR solution. In the general M > 2
case, we compute only a high-SNR solution and avoid the line search method. The

simulation results show that it works well at practical SNR.

Remark 2.1. The closed-form precoders that mazimise the ergodic sum rate of SBF

is difficult to compute due to the coupled nature in the SINR expression. To solve this
plhwl?
I+plgfw]?

At high SNR, the maximisation of a lower bound on E[SLNR,] also leads to the solution

(2.6). Similarly, the effectiveness of the SLNR metric in designing multi-user transmit

problem, we can use an alternative SLNR metric, which is defined as SLNR, =

beamforming vectors has been examined in [6, 18, 70].

In contrast with statistical beamforming with generalised eigenvectors (SGEBF), the
statistical beamforming with weakest eigenvectors (SWEBF) computes the precoding vec-
tors as Wy p = Wpin(R5), dwe = Wmin(R4). However, the rate performance of SWEBF
is unfavourable in the scenario where both channels of user A and B have similar weak-
est eigen-direction (e.g., co-located users). Specifically, the precoding vectors which are
designed to remove the interference also cancel out the intended signal. In contrast, the
GE beamforming approach obtains a balance between interference cancellation and desired
signal enhancement. In other words, SGEBF' exhibits robustness with respect to different
channels compared to SWEBF.
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2.3. AMAT Strategy

The AMAT transmission strategy that makes use of delayed CSIT is reviewed in Section
1.7.2. Under equal power allocation, the ergodic rate performance of AMAT can be
further enhanced by precoding design with the help of additional statistical CSIT. In this
section, we develop an iterative algorithm to compute the precoding vectors of AMAT,
which maximises an approximation of the ergodic sum rate.

Our idea is inspired by [20], where the authors [20] has shown that additional channel
statistics enable a higher achievable sum rate compared with the original MAT. However,
there are big differences between this work and [20]. Firstly, they released the power
constraint in the interference retransmission phase (stage II), which leads to a variation
of the total transmit power. We here control the power consumption by using a long-term
power constraint. Secondly, an efficient iterative algorithm is developed to compute the
statistical precoders to maximise an approximation of the ergodic sum rate. Particularly,

monotonic convergence of the algorithm is proved.

2.3.1. Rate Approximation

Recall that the AMAT strategy transmits four symbols at the first time slot, each two
intended to user A and B respectively. Then, the overheard interferences are reconstructed
and retransmitted in the second and third slots with delayed CSIT of the first slot.
The transmitted signals of AMAT with equal power distribution, denoted as p, can be

expressed as

x1 = /pWs, + /pQsp
x: = p|[hfQs,, O}T (2.8)

T
X3 = \/ﬁ |:g]{_]W Sa, 0:|

where W = [w; wa|, Q = [q1 q2] are the precoding matrices of user A and B, respectively.
Moreover, w1, ws,q1,qo are unit norm vectors and will be optimised to maximise the
ergodic sum rate of AMAT. For simplicity of exposition, we focus on the performance
of user A and similar results can be symmetrically applied to user B. The signal vector

received by user A is given by

hi'w h{Q N
va=vp| 0 Sa+/p |RE0IQ| s+ [na] (2.9)
n gl W 0 Mas

where y 4 £ [yAl,yAQ,yAg]T denotes the received signals over three time slots and hjp,
denotes the channel coefficient between m-th transmit antenna and user A in time slot j.

na; ~ CN(0,1) is the normalised complex AWGN. After further interference elimination,
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the received signal vector becomes

Ya= \/ﬁﬁSA+

h;nm — N2 (2 10)
N a3 7

where H = [(h5,h"W)T | (b g"W)T|T. By utilising the Minimum Mean Square Er-
ror (MMSE) receiver with Successive Interference Cancellation (SIC), the ergodic rate

achieved per slot by user A is written as
1 FTH e —177
Ry = 3E logydet (I+pH" K "H) |, (2.11)

where K is the covariance matrix of the noise vector in (2.10) and given by K =
diag(1 + |hy|?,1). Tt is challenging to obtain the closed-form expression of the ergod-
ic rate, especially for M > 2 case. Hence, we optimise the linear beamforming vectors

based on the following analytical approximation of R,.

Proposition 2.1. In spatially correlated Rayleigh fading channel, the ergodic rate of user
A for AMAT can be approximated as

2
Ry~ 3 log, (1 + pVe® A) , (2.12)

where
0, = tr(WHIR,W)tr(WHIR,W) — tr(WIR,WWH R, W) (2.13)

and a = e Bi(—1) — 2v, Bi(x) = — [~ ?dt is the exponential integral.
Proof. See Appendix A.4. O

Then, we can obtain that Reum = Ra+ Rp ~ 2 logy(1+pve®©,) + 2 logy (14 pVe?O,),
where 05 = tr(Q7R,Q)tr(Q R ;:Q) — tr(QPR,QQ"R;Q). It shows that the AMAT
strategy exploiting delayed CSIT enables a DoF of % at high SNR, while the beamforming
based on statistical CSIT makes no contribution to the DoF gain. However, the ergodic
rate performance at practical SNR benefits from spatial correlation. In (2.12) and (2.13),
we observe that the ergodic rate relies on the precoders and the spatial correlation matri-
ces. Since the latter terms are invariable, the ergodic rate R, and Rz only depend on O,
(W) and O3 (Q), respectively. To maximise the ergodic sum rate, the precoders W and
Q can be independently designed. Let us focus on ©4 only and optimise W. Likewise,

we can obtain the optimal Q that maximises O 5.

2.3.2. Precoder Design

1) Multi-antenna case (M > 2): It is analytically challenging to obtain a closed-form
expression of the beamforming vectors that maximise (2.13) and further (2.12). For such

a problem where joint optimisation is difficult but the objective function is convex in each
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©) 0

: Initialise: Set iteration index m = 0, and randomly generate wy ’, wy

: Repeat

m<+—m+1
Update ng) with GradAct [Algorithm 1], or Max-Eig [Algorithm 2]
Update ng) with GradAct or with Max-Eig

. Until 00" — 0"V <

Table 2.1.: Precoder optimisation algorithms for AMAT.

of the optimisation variables wi and ws, an alternating algorithm, also known as Block
Coordinate Descent, has been widely used in [71,72]. More specifically, we maximise
(2.13) by sequentially fixing one vector and updating the other. Fix wo and focus on wy

(vice versa, the following derivations still hold). We can reformulate the subproblem as

Hmfﬁx Ou(w1) = W{{R.AwlngBWQ+W{IRBW1W§IRAW2
wil|=1

—W{{RAWQW£IRBW1 — w{{RBw2w§RAW1. (2.14)

Since © 4 is convex in w12, the classical gradient ascent (GradAct) method can be used
to determine the optimal solution (step 4 of Table 2.1). Once the optimal w; is obtained
in terms of certain weo, the process is repeated the other way around (step 5), leading to
an iterative algorithm. Since the steepest ascent direction acts as the best direction to
increase the objective function, a proper step size can be computed for a non-decreasing
objective value, i.e., @E,mA) < @E,m’5) < @E,m“"*) where @i,mA) refers to the objective value
at step 4 in the m-th iteration in Table 2.1 (Algorithm 1). The convergence of Algorithm
1 is ensured, since © 4 is monotonically increased (non-decreased) after each iteration and
upper bounded. Even though the optimal solution is obtained for each subproblem, the
iterative algorithm cannot guarantee the global optimal beamforming vectors.

Alternatively, (2.14) is quadratic in w; and the optimal solution can be obtained
by eigen-decomposition. Rewrite (2.14) as © ,(w1) = wil M(wq) wy, where M(wy) =
WfRBWQRA + wfRAWQRB — RAW2W£{RB —RBW2W£{RA. The closed-form solution is

the maximum eigenvector (Max-FEig),

wi = arg max 0 ,(wi) = Umax (M (W2)). (2.15)
lwill=1
With (2.15) at hand, we can easily compute the optimal precoders by the proposed it-
erative alogithm. In Fig.2.1, we show by two cases (M = 4,8) that the iterative algorithm
converges very fast, where the covariance matrices are randomly generated.
2) Two-antenna case (M = 2): A special case of considerable interest is the two

transmit antenna scenario. The optimal precoders can be easily obtained as follows.

2The convexity can be easily proved with the second order condition, which is omitted here for concise-
ness.
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o Algorithm 2
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iterative index

Figure 2.1.: Convergence of iterative algorithm 1&2.

Proposition 2.2. For two-user MISO BC with M = 2 and spatially correlated Rayleigh

fading, any unitary beamforming matriz is optimal to mazimise (2.13) and further (2.12).
Proof. A detailed proof is provided in Appendix A.5. O

This proposition reveals that any orthogonal beamforming vectors with equal power
allocation achieve the same ergodic sum rate. This observation can be verified by the Fig.
2.5 in Section 2.4. Then, let us compute the equal power allocation p.

For (A)MAT-based schemes, the transmit power in stage II is inherently dependent
on the channel realisation that changes rapidly. The power consumption in each trans-
mission period hardly keeps constant. A less restrictive metric is the long-term average
power constraint. Accordingly, the long-term average power consumption for AMAT is

represented by

P. = 4p+ptr(QTR:Q) + ptr(WHIR,W)
= p (4 + Q{IRB(D + quB(m + W{IRAW1 + WgIRAWQ)
p (44 2M). (2.16)

IN

where the inequality (2.16) is obtained by using x{/Rx; + x4 Rxy < A1(R) + A2(R) <
tr (R), where unit-norm x; are mutually orthogonal and A;(R) corresponds to the i-th

largest eigenvalue [73], [74]. In order to maintain the power constraint, equal power

_3P
I+2M

in (2.16) holds for M = 2 case, which also justifies proposition 2.2 in the sense that

allocation is calculated as p = (e.g., p= % for two transmit antennas). Equality

orthonormal precoders (optimally) use up the entire power budget.
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stage I 7 slot 1 VPWisas + PaWysaz + \[Psdispr + PadzSi; AMAT
ug up

slot 2 JPsna 01 |+ JPsWssy; + [Prassh,

stage II .
slot 3 \/P—S[UB: 0]” + \/79w3s§2 + 4/ P10‘13ng

Figure 2.2.: Block diagram of the proposed SAMAT scheme.

2.4. SAMAT Strategy

In this section, we elaborate the SAMAT framework which bridges the ergodic rate per-
formance gap between the SBF and AMAT presented in last two sections. This can be
done by first deriving a tractable approximation of ergodic sum rate of SAMAT and then
optimising the power allocation based on the approximation.

The proposed SAMAT framework is indeed a superposition of AMAT (expanded into
three time slots) and SBF (in second and third time slots), shown in Fig. 2.2. In slot
1, the transmitter superposes four private symbols s,1, Sa2, Sp1, Sp2 and sends them to
both users. Denote u, = WPi/QsA and ug = QP}B/QSB as the encoded symbols with
statistical beamformer and power allocation, where W = [w; ws],Q = [q1 q2], P4 =
diag(P,, P,), Py = diag(Ps, P,). s, = [s41, 52" represents the symbols intended to user
k and E{s;sl} = 1.

At the end of first slot, each user receives its desired signal as well as the overheard
interference due to the superposed transmission. Denote 1, = h{{ up and 7z = g{{ uy as
the interference overheard by user A and B, respectively. In slot 2 and 3, the transmitter
has access to h; and g;. Then, n, and 715 can be reconstructed and broadcast via a single
antenna. This step helps both users eliminate the overheard interference and reinforce the
desired signals. In addition, new private messages sh,, sh,, s%,, s%, are sent to both users
in a superposed fashion and this extra transmission makes use of statistical CSIT only.
P, >0,k=1,...,10 indicate the power allocated to each symbol. wj and q;, k= 1,...,3
denote M x1 unit-norm precoders which depend only on statistical CSIT.

The proposed SAMAT scheme facilitates a smart use of statistical and /or delayed CSIT.
With statistical CSIT only, SAMAT with P, = P, = P; = Py = 0 boils down to SBF in
each time slot. With delayed CSIT only, SAMAT with Py = P, = P, = P,, = 0 becomes
AMAT and enables a sum DoF of % at high SNR. If the transmitter has both statistical
and delayed CSIT, we will show that proper power allocation and statistical precoding can

make room for extra symbols transmission. In this case, the proposed SAMAT framework
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allows for the parallel transmission of SBF on top of AMAT while outperforming AMAT
and SBF at any SNR.

Based on Fig. 2.2, the transmitted signals are written as

X] = u,-+up (2.17)
T

xXo = P [77,4, 0} + Pyws 511041 + P qs 511031 (2-18)
T

xs = VP |ms 0]+ VPowssha + VPoasshs. (2.19)

The long-term average power constraint is considered

P. = Eftr(xix)] + E[tr(xoxi)] + Eltr(x3x2)]
4
= Y P+ P+ P+ P+ Po+ Ps(AuPs+ AaoPy) + Ps(Api P+ Ao Py)
i=1
< 3P, (2.20)

where A\, = q{{RAql, Ao = quAqg, A1 = w{{RBwl, Agy = wfRBWQ. The expec-
tation is taken over the input signals and the channels and P denotes the average power
budget of the transmitter for each time slot.

Next, let us analyse the ergodic sum rate of SAMAT. Hereafter, we focus on user A and

similar results can be derived for user B. The received signal of user A can be written as

ya=HPY%s, + HoPY%s, + Hys” + Hys +n,, (2.21)
where ) i
hifw 0 0
H, £ 0 H; £ | /Pshiws 0 : (2.22)
VP gl W | 0 VPhiw)
hi’Q 0 0 |
H, £ | /P hihiQ H, £ | /P hiqs 0 , (2.23)
0 L 0 V P10 hglq3_

and y 4 = [yAl,yAz,yAs]T, SZ £ [SA373A4]T7 SI}; £ [3337334]T- n, = [nAlvnA27nA3]T with
na; ~ CN(0,1). The decoding procedure that mainly uses interference alignment and
cancellation (similar to [19]) is described as follows. Denote y, as the received signal

after subtracting +/P; h}, - ya from y,, and retaining ya°. First, decode the private

3 A(MAT)-based schemes use one observation to completely remove the overheard interference and two
independent observations remain to resolve two symbols. By contrast, we cancel the overheard inter-
ference while we maintain all three observations. The reasons are explained as follows: 1) in some
cases (e.g., highly correlated channel) where SAMAT boils down to SBF in each time slot, symbols
need to be decoded slot by slot. However, conventional decoding method causes rate loss because one
observation is dropped; 2) the ergodic rate of the proposed decoding method is slightly better than
the conventional one, due to one more observation even with strong interference.
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symbols (s,) by regarding the extra symbols (s%,sh;) as interference

Ya= ﬁ1P£/2SA + I:i2P13/QSB +Hssh + Hysh +1,, (2.24)

z

where Hy = [(W{'W)7, (VP b3, W' W)T, (VP 1, gf'W) )T, Hy = [(0Q)7, 07, 077
and Ny = [Nay,Nas — \/Eh;nm,n%]T. K is the covariance matrix of the interference
plus noise vector z and given by K = diag(k1, ko, k3), where k1 = 1 + |hiIQP;|? ko =
1+ Ps|hy |? + Pshdws|?> + P hdqs)? ks = 1 + Pg]hfoflw;ﬂ2 + P10|hfq3]2. To resolve s,
MMSE-SIC receiver is applied on (2.24) and the ergodic sum rate of s, can be written as

Ry, =E {mg2 det (I + PAﬁ{fK—lﬁIPAﬂ . (2.25)
Once s, is obtained, we subtract it from y,. Then, we decode the extra symbols by
taking the second and third entries of y, as y4

ya=Hysh + Hysh + iy, (2.26)

where ﬁg = diag(v/P; hiws, /P, h?w;g), H, = diag(v/P; hilqs, v/ Py, hgqg) and n, =
[Ma2—V/P5 h¥ a1, mas]T. The covariance matrix of 04 is given by N = diag(1+ Ps|hay|?, 1).

The ergodic sum rate of s is given by
R, =FE [mg2 det (I +HI(N + ﬁﬁf)—lﬁg)} . (2.27)
It is challenging to obtain the closed-form expression for the ergodic rate, we rather
derive a tractable approximation.
Proposition 2.3. The achievable ergodic sum rate per slot at user A with linear beam-

orming can be approzimated as R, = 1(Rs, + Ry ) where
3 A £

RsA ~ 10g2 (1 +0m (TA1P1 + TA2P2) + a2 (>\31P1 + >\sz2) + 6A16A2@AP1P2> (2-28)

TasFs TasPy
R ~ lo 1+ ———— | +1lo 1+ —— 2.29
i 08 < 1+ P, + AA3P7> 52 < 1+ AAsPlo) (2.29)

Similarly, we have Ry = 1(Rs, + RS%) and

Rs, ~ log, (1 4 O (Tor By + 5o Py) + 055 (A Py + AiaPy) + 53153293133134)(2.30)

P P
log, (1 + TB”) +log, (1 + TB31°> (2.31)

R
i 14 Aps Dy 14 Py + Aps by

Sp

%
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where

1 P
50 = 4
o 1+ AP+ As Py 14+ P+ 1B + A s Py
1 Py
5B1 = +
14+ A P4 Apo s 14+ P+ Aps Py + 753 P
Pg P5
5} = , Ops = 2.32
. 1+ 7a3 Py + AazPro b 1+ Aps P + mps s ( )
Ay = Q{{RAQL Aag = quAQ% Ap1 = W{IRBWI
Aps = WgRBW% Ta1 = W{{RAWM Taz = WgRAWQ
T = AU Rpai,  Tm=afRpqs, A =aiRaqs
Apy = W?RBW& Tasz = W{g{RAWZ'n Ty = Q§IRBQ3 (2-33)
0, = tr(WHR,W)tr(WHR,W) — trit WIR,WWR,W)
0, = trQ"R,Q)tr(QFR;Q) - tr(Q"R,QQ'R,Q). (2.34)
Proof. Refer to Appendix A.6 for proof. O

Remark 2.2. Compared with the interference quantisation approach in [33], the analog
transmission induces a noise enhancement. Namely, interference alignment cancels the
overheard interference while scaling up the noise by Ps (Ps). This noise enhancement can
be observed in from (2.24) to (2.31). At low SNR, the proposed SAMAT strategy behaves
as SBF in each time slot. The scaling factors are small and therefore the effect of noise
enhancement is negligible. The gain over AMAT mainly comes from extra symbol trans-
massion and statistical precoding. At high SNR, the proposed SAMAT strategy behaves
as AMAT, achieving a DoF of %. In this case, the ergodic rates of extra symbols can
be eliminated by noise enhancement. Namely, we have little benefit by transmitting extra
symbols. However, the proposed SAMAT strategy still achieves significant gain over SBF

and AMAT by power allocation optimisation and statistical precoding.

With predefined beamforming vectors, the proposed SAMAT strategy softly bridges
between SBF and AMAT by power control. Let us concentrate on two cases.

case 1: bridge between SWEBF and AMAT, wi = upax(Rs), 1 = umax(R4), wa =
W3 = Wy = Unin(Rgp), @2 = q3 = qur = U—min(RA)§

case 2: bridge between SGEBF and AMAT, w; = upin(R5'R,), qi = umin(RglRB),
W2 = W3 = Wgp = umax(RglRA)7 d2 = q3 = dgr = umax(RglRB)‘

case 1 is used to show the efficacy of the power allocation optimisation technique by
which the proposed SAMAT strategy can softly bridge between SWEBF and AMAT.
Beyond this, case 2 makes better use of statistical CSIT in the sense that SGEBF
exhibits better robustness compared with SWEBF. Instead of using the optimised AMAT

47



precoders in transmission stage I (w1, wa,q1,qs2 as developed in Section 2.3), we use the
precoders above (w1, wa,qi,q2 as WE/GE precoder) and the motivations are explained
as follows. Firstly, the optimal precoders in Section 2.3 that maximise the ergodic sum
rate of AMAT under equal power allocation are not necessarily optimal for SAMAT with
power control. Secondly, SAMAT boils down to SBF at low to intermediate SNR in
highly correlated channel, where the optimised AMAT precoders may cause a poorer rate
performance compared to the WE/GE precoders. In order to softly bridge between SBF
and AMAT, we adopt the precoder design as above.

Accordingly, Reum 2 R4 + Ry and the ergodic sum rate optimisation problem is for-
mulated as

1}1}51?( Reyun st. P.=3P, P,>0 i¢=1,...,10. (2.35)

It was shown that the sum rate optimisation problem is generally NP hard [75]. Thus,
an algorithm achieving global optimum cannot be expected. Nevertheless, Sequential
Quadratic Programming (SQP) algorithm provides an efficient way to solve non-linear
constrained optimisation problem. An overview on SQP is provided in [76-78|. Briefly, a
quadratic approximation of the Lagrangian function is made by applying quasi-Newton
updating method. The consequent QP subproblem can be optimally solved and then the
solution is used as a search direction. With proper line search, an estimate of the solution
is computed for the next iteration. This SQP algorithm can guarantee a super-linear
convergence to a local minimum.

In order to get insights into the optimal power allocation, a necessary condition for
optimality of the constrained problem (2.35) is identified from the Karush-Kuhn-Tucker
(KKT) conditions. Accordingly, the optimum power allocation that depends on the pre-

coders and the channel covariance matrices is stated as follows.

Theorem 2.2. At high SNR, the optimal power allocation that mazimises Rgym in (2.35)
should satisfy

i: 14+ Mg P &Z 14+ AP (2.36)
P, 14 Mg P’ P, 14+ A0P; '
where Aa1, Aaz, Ap1, Apo are defined in (2.33).
Proof. The full proof is relegated in Appendix A.7. O

Remark 2.3. As can be seen from (2.36), the power allocation depends on the spatial
correlation, the precoder design as well as SNR. Taoke case 1 as an example, A\g, =
WHREWy = Apin(Rz) while Ay = Amae(Ris). Then, {52228 < 1 implies that P, <
P, and likewise Py, < P,. This implies that more power needs to be allocated on the

weaker eigen-mode (W3 ) to constrain the interference imposed to the other desired symbol
of the same user. As mentioned before, the power consumption in time slot 2 and 3
relies on the beamformer design. Such power allocation method enables to compress the

interference and makes room for delivering two more private symbols. Moreover, consider
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i.i.d Rayleigh fading channels where R, = Ry = 1. A, = WgRBWQ =1 and likewise
Api = Aa = Aap = 1. Based on (2.36) and symmetry, the optimal power allocation
satisfies P, = P, = P, = P, and therefore SAMAT boils down to AMAT. It makes
sense because the channels are uncorrelated and there is mo room in the spatial domain to

suppress the interference. In this case, equal power allocation is the optimal choice.

To operate the proposed SAMAT transmission protocol, the signalling and feedback
procedure is described as follows. Using LTE-A framework [79], channel state information
reference signals (CSI-RS) are transmitted to enable the receiver to measure the short-
term CSI and the long-term CSI (channel covariance matrix), which are then fed back
to the transmitter via a delayed but assumed perfect feedback link. The long-term CSI
only varies at a very slow pace and is therefore not affected by the delay. However by
the time the transmitter has acquired the short term CSI, the channel has changed and
the transmitter only has knowledge of a completely stale short-term CSIT. Based on
the long-term and the short-term CSIT, the transmitter computes the precoders and the
power allocation and constructs the transmitted signals that are then transmitted using
demodulation reference signals (DM-RS) [43].

2.5. SAMAT Discussion

The proposed SAMAT transmission strategy is inspired by [33]. The authors in [33] devel-
oped a superimposition scheme of AMAT and ZF-based new privates transmission, which
exploits optimally both the delayed CSIT and partial CSIT. This new scheme smoothly
bridges between MAT and PZFBF (i.e., multiuser transmission with ZF beamforming
based on perfect CSIT) scheme in terms of sum DoF.

In our work, we aim to bridge between AMAT and SBF in terms of ergodic sum rate
based on statistical and delayed CSIT. Although our framework is analog to [33], there
are essential distinctions between them. A first distinction lies in the channel model.
We exploit spatial correlation to compress the multiuser interference and make room for
extra symbols transmission while they make use of time correlation. The power allocation
in [33] depends on SNR and quality of current CSIT while our power allocation strategy
relies on SNR, precoder design as well as spatial correlation.

The secondary distinction lies in the encoding/decoding strategy (and hence the trans-
mission protocol). More specifically, interference quantisation is crucial for [33], where
the overheard interference symbol with a reduced power is transmitted with full power in
order to save channel resources. Interference quantisation is proposed to solve the conse-
quent problem of power mismatch (which scales with transmit power). By decoding the
interference symbols first, [33] equivalently obtains one AMAT transmission plus two ZF
transmissions. DoF gain at high SNR can be obtained over the original AMAT scheme.

In contrast with [33], the overheard interference is multicast by analog transmission in

our scenario and the reason is threefold. Firstly, we retransmit the interference symbols
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after scaling them by constant (i.e., not scaling with the transmit power) factors P; and
P,. P,,P,, P, and P, in the main AMAT transmission scale with the transmit power
at high SNR to achieve the DoF of %. However, to guarantee the power constraint,
the multiplication terms P;(AaPs + A 4o Py) and Ps(Ap Py + Ap.P,) in eq. (2.20) limit
P, and P, to some constants. Secondly, interference quantisation would prevent the
proposed SAMAT strategy from bridging SBF at low SNR. More specifically, in slot 2
and 3, SAMAT should behave as SBF at low SNR and should therefore allocate most of
the transmit power to the extra symbols. Only very little power is left to transmit the
overheard interference symbol. Following [33], if interference quantisation is applied, the
digitised interference should be decoded first by treating the extra symbols as noise. In
this case, however, the decoding would fail because the noise power would overwhelm the
desired signal power.

Finally, due to the inherent properties of the channel model (full-rank channel covari-
ance matrix), a sum DoF strictly larger than % cannot be achieved in our case (contrary
to [33]). Hence, the SAMAT transmission and reception strategies are not motivated by
DoF maximisation. With SAMAT, a sum DoF of % is achieved where the extra private
symbols are not used to increase the DoF at high SNR (contrary to [33]) but to significant-
ly boost the sum rate at low/finite SNR. This implies that the retransmitted overheard
interference does not have to be decoded first in SAMAT (contrary to [33]) but can sim-
ply be aligned and cancelled so as to decode the private and extra symbols. Recall again
that [33] relies on interference quantisation to decode first the overheard interference and

then the private messages in order to increase the sum DoF beyond %.

2.6. Performance Evaluation

In this section, we provide numerical results to show the effectiveness of the proposed
precoder design and power allocation scheme. A single parameter exponential correlation

model [80] is considered as

1 U
tH 1 ... tM=2

R, — g R (2.37)
M1

where ¢;, denotes the transmit correlation coefficient ¢, = |tx| e/%*, ¢, € [0, 2], k = A, B.
We use high (low) correlation to indicate large (small) condition number of the spatial
correlation matrix, which corresponds to large (small) |tx| in the exponential model. A
large family of spatial correlation has been tested to verify our analysis. With the aid of

the optimisation tool in Matlab, ‘fmincon’ is used to implement the SQP algorithm.
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Figure 2.3.: Ergodic sum rate of SBF with WE and with GE precoder in spatially corre-
lated channel.

2.6.1. Precoders Comparison for SBF

In Fig. 2.3, we plot the ergodic sum rate of SBF with WE/GE precoders, averaged over
the randomness in the channel realisations and in the correlation coefficient phase ¢,. The
amplitudes of channel correlation coefficients of both users are given by |t,| = 0.95, |t5]| =
0.9 and the superiority of SGEBF over SWEBEF is illustrated by two cases (M = 2,4).
In Fig. 2.3, GE beamforming vector shows robustness for large M as well as varying
scattering environment (i.e., ¢,). Interestingly, SWEBF performs even worse for larger
M, which is inherently caused by the idea of zero forcing. The WE precoder is designed
to reduce the interference to the unintended user, but may cancel out the desired signal of
the intended user. In other words, as M increases, the M x 1 WE precoder w = up,in (R5)
may fall into the (M — 1) dimensional Null(h) with higher probability.

2.6.2. Precoders Comparison for AMAT

In Fig. 2.4, we compare the ergodic sum rate performance of AMAT with different
precoding methods. tj is randomly generated by |tx| € U(0,1),¢, € U(0,27). ORG
denotes original AMAT that the transmitter sends symbols simply using 2 out of M
antennas. WE and GE are statistical precoders defined in Section 2.2. The optimal
precoders (OPT) is computed by the proposed iterative algorithm in Table 2.1. We can
observe that OPT achieves a better ergodic sum rate than other baselines.

Meanwhile, Fig. 2.5 confirms the validity of Proposition 2.2. It can be seen that any

orthogonal beamforming vectors constituting a unitary matrix are optimal for M = 2
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Figure 2.4.: Ergodic sum rate of AMAT with various precoders in a setup with M = 4.
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Figure 2.5.: Ergodic sum rate of AMAT with various precoders in a setup with M = 2.
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case. More specifically, RND indicates that W and Q are randomly generated unitary
matrices. WE precoders, corresponding to upax(Ry) and umin(Rg) £ = A, B, also form
unitary matrices. ORG becomes an 2 x 2 identity matrix. All these precoders show
optimality in terms of the ergodic sum rate whereas GE does not, because GE precoders
fail to form a unitary matrix (due to the fact that neither R;'R; nor R;'R, is a normal

matrix).

2.6.3. Performance of SAMAT

Fig. 2.6 depicts the achievable ergodic sum rates of various schemes with two transmit
antennas (M = 2): original AMAT, SBF with WE precoders and the proposed SAMAT
(case 1). We set |t4] = [tz| = |t| that varies between 0 and 1, i.e., from uncorrelated to
highly correlated channels. Furthermore, ¢,, ¢5 are randomly generated with |, — @] >
5 and SNR = 20 dB. As |t] increases, the sum rate of SBF gradually goes up while a sharp
rise occurs at very high correlation level. Because in highly correlated channels, linear
beamforming based on statistical information restrains the remaining interference small
enough. A special case is the fully correlated channel (i.e., |t| = 1), where the overheard
interference can be completely eliminated.

Moreover, the rate performance of original AMAT also depends on the transmit cor-
relation of the channel. In M = 2 case, ORG precoders for original AMAT become
W = Q = Iyxo. Observe in (2.12) and (2.13) that the ergodic rate is a function of R,
and Rp. Specifically, 0, = 05 = tr(R,)tr(Rg) —tr(R,Rz). With the correlation model
in (2.37) and the specific phases ¢4, ¢, a positive/negative impact of transmit correla-
tion amplitude || can be easily computed: ©, = O, = 2(1 — [¢[?|- cos(|¢4 — ¢5])). As |t]
increases, the transmit correlation is beneficial for |¢p, — ¢p| > 5 while it is detrimental
for [¢p4 — ¢5| < 5. When [¢p, — ¢5| = §, the ergodic rate keeps constant irrespective of
|t].

The cross point between SWEBF and AMAT is determined by the spatial correlation
level and SNR. Fig. 2.6 reveals that the proposed SAMAT strategy obtains strictly higher
rate than SWEBF and AMAT by exploiting both statistical and delayed CSIT. Based on
(2.1), we can regard the long-term channel statistics as a kind of imperfect current CSI.
Fig. 2.6 coincides with Fig. 1 in [33] in the sense that the proposed strategies softly bridge
between SWEBF (PZFBF in [33]) and AMAT (MAT in [33]) in terms of the ergodic sum
rate (DoF).

In addition, for given channel covariance matrices, the ergodic sum rate of these s-
trategies can be plotted versus SNR. It can be observed from Fig. 2.7 that SAMAT
achieves higher rate than SWEBF as well as AMAT along the entire SNR region. It acts
as SWEBF at low SNR while it utilises the DoF capability of AMAT in the high SNR
regime. As a comparison, PZFBF with perfect CSIT enables a sum DoF of 2 at high SNR.
Briefly, when |t4], [t5] — 0, the SAMAT transmission protocol boils down to AMAT s-

93



-
o

—6—SAMAT

©
T

Ergodic rate per slot(bps/Hz)

2 i i i i i
0 0.1 0.2 0.3 0.4 0.5 0.6 0.7 0.8 0.9 1

[t
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Figure 2.8.: Comparison of the ergodic sum rate vs. SNR between SAMAT and baselines,
|tA| == 095, |tB| == 09, ¢A7¢B € U(O, 277')7 M = 4.

ince no correlation can be exploited to enhance the rate performance. Consider the other
extreme |[t4],|tg| — 1 but |¢p4 — ¢5| — 0, it indicates highly correlated channels but
their weakest eigen-modes lie in the similar direction. The rate performance of SWEBF
is unfavourable and therefore SAMAT also behaves as AMAT.

In Fig. 2.7, the power allocation of SAMAT from the SQP algorithm at SNR = 30 dB
is given as P, = 525.2, P» = 81.6, P3 = 579.3, P4 = 59.4, Ps = 5.9, Py = 4.3, A4, = 0.05,
Az = 1.95, A5, = 0.1, A5, = 1.9. Tt can be easily verified that Theorem 2.2 (i.e., Equation
(2.36)) holds.

Fig. 2.8 illustrates the benefits of the proposed strategy with the power allocation
optimisation. The transmitter antennas M = 4 and robust GE precoders are considered.
¢4 and ¢ are randomly generated. Specifically, AMAT indicates the original AMAT with
equal power allocation only exploiting delayed CSIT. AMAT_OPT denotes AMAT with
the optimal beamforming vectors developed in Section 2.3. SGEBF denotes the statistical
beamforming with GE precoders. Moreover, we compare the proposed SAMAT (case 2)
strategy with VMAT [20]. As mentioned before, the power constraint of VMAT in stage
IT was released. To make a fair comparison, we also apply the long-term power constraint
for VMAT and scale it down to 3P.

In Fig. 2.8, we observe that AMAT_OPT enables around 5 dB enhancement over
original AMAT at high SNR. VMAT achieves almost the same ergodic sum rate as AM-
AT_OPT, since both schemes exploit statistical CSIT under equal power allocation. How-
ever, the SBF scheme still outperforms both of them in a certain range of low to interme-
diate SNR. The proposed SAMAT framework which is precoded by GE with closed-form
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power allocation outperforms all these strategies. Meanwhile, with the optimised power
allocation computed by the SQP algorithm, the SAMAT strategy maximises the ergodic
sum rate (further 2 dB over AMAT_OPT). The enhancement over VAMT/AMAT_OPT
mainly comes from power allocation optimisation.

To sum up, SAMAT boils down to AMAT in low-correlated /uncorrelated channels while
for highly correlated scenario where SBF outperforms AMAT, it behaves as SBF in the
low to mediate SNR regime and as AMAT at high SNR. In addition, the optimised power

values satisfy Theorem 2.2.

2.7. Summary and Conclusion

This chapter aimed to maximise the ergodic sum rate with both statistical and delayed
CSIT in a two-user MISO broadcast channel. We considered the robust design of sta-
tistical beamforming vectors for arbitrary transmit antennas, showing the optimality of
dominant generalised eigenvectors in maximising a lower bound of the ergodic sum rate.
Moreover, the optimal precoders were designed to maximise the rate approximation of
AMAT under equal power allocation. An iterative algorithm was developed to compute
these precoders.

The SBF and AMAT strategies show superiority to each other in different regime of
spatial correlation and SNR. The SAMAT transmission protocol was proposed to integrate
SBF and AMAT for a wide range of SNR and spatial correlation condition with an
arbitrary number of transmit antennas. In low correlated channel, the SAMAT strategy
boils down to AMAT because limited spatial correlation can be exploited to enhance the
ergodic sum rate. For highly correlated scenario, it employs the advantage of SBF in
the low to intermediate SNR region and the DoF capability of AMAT at high SNR. To
sum up, the proposed SAMAT strategy yields a significant ergodic sum rate enhancement
over both SBF and AMAT. At low SNR, the gain mostly comes from extra symbols
transmission. At high SNR, it is achieved by power allocation optimisation and statistical
precoding. Numerical results were provided to confirm the analysis and designs.

For multiuser (K > 2) case, direct implementation of A(MAT) schemes involves the
explosion of time slots. For instance, K = 3 MAT scheme requires 11 time slots to
complete the whole transmission [19]. As [20] suggests, a user scheduling/pairing can be
considered. The proposed SAMAT scheme can serve a pair of users at a time while all

pairs are scheduled in a round-robin manner.
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3. A Novel Transmission Strategy for
Multiuser Massive MIMO System
with Partial and Statistical CSIT

We shift the focus to design transmission strategy with partial and statistical CSIT. In
FDD systems, downlink channel estimation and uplink feedback of instantaneous CSI is
widely used in MIMO networks. In TDD systems, downlink channel can be instanta-
neously measured by uplink training and channel reciprocity. Rather than delayed CSIT
considered in previous chapter, it is also worth an effort to look into the partial CSIT. As
introduced in Section 1.7.4, a recently proposed Rate-Splitting (RS) transmission strategy
can deal with partial CSIT.

In this chapter, we generalise the idea of RS into the large-scale array regime. The
rationale behind is explained as below. It is well known that massive MIMO is a promising
candidate for improving the spectrum and energy efficiency for 5G cellular networks.
However, for a large number of transmit antennas, the downlink training represents a
significant obstacle and the corresponding feedback overhead is typically too large to
afford. With limited feedback for massive MIMO system, it is very likely that only
partial CSIT is available at the BS. There has been no investigation on the performance
of RS in massive MIMO systems. We will fill the gap by analysing its rate gain over the
conventional transmission strategy.

Moreover, statistical CSIT only requires low-rate feedback link and can be easily and
accurately obtained by the BS, as discussed in Section 1.5.2. It is of great interest to
investigate how statistical CSIT helps RS to further enhance the system performance.
We indeed incorporate the idea of RS into the conventional transmission strategy with
partial and statistical CSIT as discussed in 1.7.5. More specifically, we propose a novel
and general framework Hierarchical-Rate-Splitting (HRS) that is particularly suited to
massive MIMO system. Deterministic equivalent sum rate expressions are derived and

power allocation schemes are developed for both RS and HRS.

3.1. System Model

Consider a single cell downlink system where the BS equipped with M antennas transmits

messages to K single-antenna users over a spatially correlated Rayleigh fading channel.
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Consider a geometrical one-ring scattering model [5], the correlation between the channel

coefficients of antennas 1 < 4,5 < M is given by

]. ak +Ak - 27

Ryl = — / e TE V@) 4o, (3.1)
2Ak Op—Ayg

where 0y, is the azimuth angle of user k£ with respect to the orientation perpendicular to the

array axis. Ay indicates the angular spread of departure to user k. W(«) = [cos(«), sin(«)]

is the wave vector for a planar wave impinging with the angle of a;, A is the wavelength

]T

and r; = [x;,y;]" is the position vector of the i-th antenna. With the Karhunen-Loeve

model, the downlink channel of user k hy, € CM is expressed as
1

where Ay, € C"+*"* is a diagonal matrix containing the non-zero eigenvalues of the spatial
correlation matrix Ry, and U, € CM*"r consists of the associated eigenvectors. The
slowly-varying channel statistics Ry can be accurately obtained via a rate-limited feedback
link or via uplink-downlink reciprocity and is assumed perfectly known to both BS and
users. We also assume block fading channel and g € C™ has i.i.d. CN(0,1) entries.
For each channel use, linear precoding is employed at the BS to support simultaneous

downlink transmissions to K users. The received signals can be expressed as
y = HIx 4+ n, (3.3)

where x € CM is the linearly precoded signal vector subject to the transmit power con-
straint E[||x||?] < P, H = [hy,--- ,hg] is the downlink channel matrix, n ~ CN(0,I)
is the AWGN vector and y € C¥ is the received signal vector of K users.

Due to limited feedback (e.g., quantised feedback with a fixed number of quantisation
bits) or imperfect channel estimation, only an imperfect channel estimate ﬁk is available
at the BS and modelled as [81]

~

1 1
h;. :UkAli /g\k :UkAli (\/1—7']? gk+Tka>, (3.4)

where zj has i.i.d. CN(0, 1) entries independent of gi. 7 € [0, 1] indicates the quality of
instantaneous CSIT for user k, i.e., 7, = 0 implies perfect CSIT whereas for 7, = 1 the

CSIT estimate is completely uncorrelated with the true channel.

3.2. Rate-Splitting

In this section, we introduce the rate-splitting (RS) transmission strategy and elaborate
on the precoder design, asymptotic rate performance as well as power allocation. The

sum rate gain of RS over conventional strategy is quantified.
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3.2.1. RS Transmission

Let us firstly consider conventional multiuser strategy (referred to as No-RS) with one-tier

precoder. The transmitted signal and the corresponding received signal of user k£ can be

written as
K
x = Ws = Z Prwy s,
k=1
K
ye = /Puhfwy s, + Z VPihilw; s +ny, (3.5)
J#k
multiuser ?;terference
where s = [s1,- -+ ,sx]? € CX is the data vector intended for the K users. Based on the
imperfect channel estimate H = [ﬁl, e ,EK], the M x K precoder W = [wq, -+, Wg] is

designed as ZF or Regularised-ZF (RZF). In the presence of partial CSIT with fixed error
variance, the sum rate of No-RS with uniform power allocation is multiuser interference-
limited at high SNR. In order to tackle the interference, one can adaptively schedule a
smaller number of users to transmit as the SNR increases, resulting in TDMA at extremely
high SNR. However, such an adaptive scheduling is computationally heavy for a large
number of users.

To tackle this issue, we introduce the RS transmission strategy that is well described

in Section 1.7.4. In the RS strategy, the transmitted signal can be written as

X =/ P. W, 5. + Zle VP Wi, sp,, (3.6)

where w, is the unit-norm precoding vector of the common message. We here perform a
uniform' power allocation for the private messages. The interest is on how to balance the
power allocation between the common and private messages. Hence, the powers allocated
to each message are given by P. = P(1 —t) and P, = Pt/K, where t € (0, 1] denotes
the fraction of the total power that is allocated to the private messages. The decoding
procedure is performed as follows. Each user decodes first the common message s. by
treating all private messages as noise. After eliminating the decoded common message by
SIC, each user decodes its own private messages. By plugging (3.6) into (3.3), the SINRs

of the common message and the private message experienced by user k are written as

P. \hfwclz
K )
> b b/ w2 +1

Pk \hfwklz
>k b Ihifw;[? +1

SINR, = SINR? = (3.7)

The achievable rate of the common message is given as R?S = log,(1 + SINR®), where

LA per-user power allocation optimisation can further enhance the rate performance of RS, as has been
done in [39]. We here consider a uniform power allocation to the private messages for both RS and
conventional No-RS.

99



SINRS = mkin {SINR{} ensuring that the common message can be successfully decoded

by all users. The sum rate of the private messages is given as Rﬁs = Zszl RkRS =
SO logy(1 + SINRY). Then, the sum rate of RS is RES, = RS 4+ RES.

sum

3.2.2. Precoder Design

The precoder (wy) of the private message for multiuser MISO broadcast channel has
been investigated in [82] assuming perfect CSIT. The structure of the optimal wy is a
generalisation of RZF precoding. In the presence of partial CSIT, the optimal precoders
of the private messages are still unknown in simple closed-form expression and have to
be optimised numerically following e.g. [39]. The optimisation is particularly complex in
large scale antenna array systems. Nevertheless, building upon [7,37,44], RZF based on
the channel estimates H would be a suitable strategy for the precoders of the private

messages. Hence,

W = ¢ MH, (3.8)

where M = (HH” + MeIy)™! and ¢ = K/(MP). To satisfy the transmit power
constraint, the normalisation scalar is set as &2 = K/tr(I/-\IHﬁHMﬁ)

The precoder w, is designed to maximise the achievable rate of the common message,
i.e., logy(14+SINR®) with SINR® = mkin {SINR{}. From (1.11), different channel estimates
become asymptotically orthogonal in the large-scale array regime [66]. Thus, we are able

~

to design the precoder w, in the subspace S = Span(H), i.e.,
W, = Z aihy, (3.9)
k

which can be interpreted as a weighted matched beamforming (MBF'). The corresponding

optimisation problem is formulated as

P1: max min 7 - Thfw.|2 510
weES, [[we|?2=1 &k k | k C|a ( )

Pe
ket P i wi[2+1

where 7, = and the optimal solution {a}} is shown as below.

Proposition 3.1. As M — oo, the asymptotically optimal solution of problem P1 is
given by (3.9) with

, Vk. (3.11)

Proof. See Appendix B.1. O

Remark 3.1. The precoder w} is optimised such that all the K wusers experience the
same SINR (3.7) w.r.t. the common message. Specially, the equally weighted MBF with
ar = 1/vVMK is optimal when the condition my (1 —77) = m; (1 — 7']-2), Vk # j is satisfied.
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Nevertheless, we employ aj = 1/v/ MK rather than (3.11) for arbitrary cases, in order to

obtain a more insightful and tractable asymptotic sum rate expression in the sequel.

3.2.3. Asymptotic Rate Analysis

We shall omit the proof of the following asymptotic SINRs of RS, which are straightfor-
wardly established based on the approach of [7].

Theorem 3.1. As M, K — oo with a fized ratio n = %, the SINRs (3.7) of RS asymp-

totically converge as

o M—

SINR;, — SINRS® 2820, SINR? — SINRP° "=5° 0, (3.12)
almost surely, where

P —t)(1—7)n 7€) @

SINR?® = ,  SINRP® = , (3.13)
f () (T + ) + 1 bR re +1
and
K /
K 1 m; (1 —72)(m3)?
0\2 o J k k
- Yo — 7 Hp =~ RV R .14
(6 ) ‘1}07 MJZ; (1+m5)27 k (1+mz)2 (3 )
1 m’.k 1_72(1_(1+mo)2)
Ty = + Z —, = L & (3.15)
Mj;ék (1erj)2 (14mg)?
with m' = [m}, -, mh]? and mj, = (M gy 7m,K,k]T defined by
m' = (I —J)" v, m), = (Ix — J) " lvy, (3.16)
where J,v and vy, are given as
Ltr(R; TR, T)
J,: = M v J 3.17
[ ]7] M(l +m§)2 ) ( )
1 1 T
vi = [ 0(RITRT), -, — (R TR T)| (3.18)
v = [it (RiT?), -, (R T%}T (3.19)
== M T 1 ) >M A K ) .
and with mj, and Ty the unique solutions of
K -1
1 1 R,
P =—trRyT), T=[— ! I . 2
mg, MT( ©T), <M;1+m§+5 M> (3.20)

By applying the continuous mapping theorem [83], it follows from (3.12) that RkRS —

RIS M280 0 where RIS = log, (1 + SINRP®) and that RS — RES® M28° 0 where
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RIS = 1og,(1 4+ SINR®®) with SINR®® = mkin {SINR;°}. The asymptotic sum rate of
the private messages is Rﬁ 5o = Zle logy(1 4+ SINRY®) and it follows that %(Rﬁs =

Rﬁ S’o) M=o, Then, an approximation Rﬁl‘i’f of the sum rate of RS is obtained as

sum

RIS — RESe 4 RiiSe, (3.21)

According to random matrix theory and following [7,44,45], the asymptotic SINR /rate
approximations become more accurate for increasing number of transmit antennas. The
asymptotic approximations are also tight for large but finite M, e.g., 64 antennas im-
plemented in the typical prototype of massive MIMO [84]. Moreover, simulation result-
s suggest that the asymptotes remain effective even for small system dimension, e.g.,
M =16 [7].

3.2.4. Power Allocation

The optimal power splitting ratio ¢ that maximises (3.21) can be obtained by line search.

Nevertheless, we compute a suboptimal but effective and insightful power allocation by

which RS considerably outperforms conventional No-RS strategies. Denote the asymp-

totic sum rate of the No-RS strategy in (3.5) with RZF and uniform power allocation by
RZFo _ ~~K RZFoy\ . RZF,o _ p,o .

Rsim = > 11 1logy(1 + SINR;, ) with SINR}, = SINR}"[;=1. We can write

Pt (02 P (¢fo0)\2
P h7d P
K (5 ) k < SHIRkRZF’O K ({ ) k

SINR?® = < ,
B Dteeytroqy 41 Loy 1oy, + 1

(3.22)
for vt € (0, 1]. The basic idea is to allocate a fraction (¢) of the total power to transmit the
private messages of RS and achieve approximately the same sum rate as conventional No-
RS with full power. Then, using the remaining power to transmit the common message of
RS enhances the sum rate. The sum rate gain of RS over No-RS with RZF is quantified
by
ARFS® = RIS + 3™ (logy(1 + SINRY®) — logy (1 + SINR; 7)), (3.23)
k
Proposition 3.2. The equality of (3.22) holds when the power splitting ratio t is given
by
K
t = mi {— 1}, 3.24
min | pr (3.24)

where I' = n”gcm {TZ T,?/\IIO} and the sum rate gain ART5° at high SNR is lower bounded
as
ARFS° > logy(1 4+ SINR®) — log,(e). (3.25)

Proof. See Appendix B.2. O

Remark 3.2. We can get useful insights into the effects of system parameters on the

2

power allocation and sum rate gain. For example, t decreases as T increases, i.e., the
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power allocated to the private messages is reduced as the channel quality becomes worse
(12 — 1). Moreover, the power allocated to the private messages Pt is fized at high
SNR, in order to place the sum rate of the private messages back to the non-interference-
limited regime. By assigning the remaining power P — Pt to a common message, the
sum rate increases with the available transmit power. As P increases, t — 0 but t # 0,
i.e., RS will never boil down to common message transmission and always exploits the
benefits of private messages at low to medium SNR. In addition, from (3.25), the rate
loss (RQ%F’O — Rg”s’o) based on power allocation (3.24) is upper bounded by logy(e) ~ 1.44
bps/Hz. Last but not least, as K becomes larger, t(< 1) increases which deteriorates
SINR;® = %P(l —t)c for some constant ¢ > 0 and further the sum rate gain (3.25).

3.3. Hierarchical-Rate-Splitting

As discussed before, a large number of users (K) degrades the rate benefits of RS. More-
over, the BS requires channel estimate H with a large dimension to perform conventional
No-RS strategies (e.g., ZF/RZF) or RS. In addition, the RS framework can be applied
to spatially uncorrelated or correlated channels. Yet in its current form, RS does not
explicitly make use of the channel second-order statistics, if known to the transmitter.
Motivated by these considerations, we propose a novel and general framework, denoted
as Hierarchical-Rate-Splitting, that exploits the knowledge of spatial correlation matri-
ces and two kinds of common messages to enhance the sum rate and alleviate the CSIT

requirement as well as the effect of large K.

3.3.1. HRS Transmission

Recently, a multiuser transmission strategy with a two-tier precoder for FDD massive
MIMO systems have been proposed to lessen CSIT requirement by exploiting the knowl-
edge of spatial correlation matrix at the transmitter [44-47]. Since the human activity
is usually confined in a small region, locations of users tend to be spatially clustered.
We make the same assumption as [44] that K users are partitioned into G groups (e.g.,
via K-mean clustering) and that users in each group share the same spatial correla-
tion matrix Ry = UgAgUf with rank r,. We let K, denote the number of users in
group g such that Zngl K, = K. The downlink channel of the g-th group is expressed
as Hy = [hg1,--- ,hyg, | = UgA;/QGg, where the elements of G, are distributed with
CN(0,1). Then, the transmitted signal of conventional two-tier precoded (TTP) No-RS

scheme is expressed as

G
x=> By;W,P,s,, (3.26)
g=1

where s, € C%o represents the data streams for the g-th group users. The outer precoder
B, € CMxbs is based on long-term CSIT while the inner precoder W, € Cls*Es depends
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on short-term effective channel H, = Bf H, P, c CK9*Ey is the diagonal power allo-
cation matrix with Py, = /P/K - I. The received signal of the k-th user in g-th group is
given by

Ky G
— H H H
Ygk =/ nghnggwgksgk + Z \/ nghnggngng + Z hnglWlPl S| +ngk, (3.27)
7k I
intra-group interference inter-group interference

where wg, = [Wy]i. To eliminate inter-group interference, the outer precoder is designed
in the nullspace of the eigen-subspace spanned by the dominant eigenvectors of the other
groups’ spatial correlation matrices. However, the power attached to the weak eigen-
modes may leak out to other groups and incur inter-group interference. Furthermore, the
intra-group interference cannot be completely removed due to partial CSIT (e.g., limited
feedback). To eliminate the interference-limited behaviour at high SNR, one can optimise
the groups and the users in each group as a function of the total transmit power and
CSIT quality. In general, such an optimisation problem is quite complex.

By generalising the philosophy of RS in Section 3.2, we propose a novel and general
Hierarchical RS transmission protocol that consists of an outer RS and an inner RS. By
treating each group as a single user, an outer RS tackles the inter-group interference by
packing part of one user’s message into a common codeword that can be decoded by all
users. Likewise, an inner RS copes with the intra-group interference by packing part of
one user’s message into a common codeword that can be decoded by multiple users in
that group. The common messages are superimposed over the private messages and the

transmitted signal of HRS can be written as

G
X =/ PoeWoeSoe + Z B, ( Pic gWic,gSic,g + «/ngWgsg> , (3.28)
g=1

where s;., denotes the inner common message for g-th group while s,. denotes the outer
common message for all users. w;. , and w,. are the corresponding unit norm precoding
vectors. Similarly to RS, a uniform power allocation is performed on the private messages
and we mainly focus on how to balance power allocation between the common and private
messages. Hence, let 8 € (0, 1] represent the fraction of the total power that is allocated to
the group (inner common and private) messages. Within each group, a € (0, 1] denotes the
fraction of power given to the private messages. Then, the power allocated to each message
is jointly determined by a and B, i.e., Pope = P(1 = f), Piy = “2(1 — ), Py, = 22 .
The decoding procedure is performed as follows. Each user sequentially decodes s,. and
Sic,g, then remove them from the received signal by SIC. The private message intended to
each user can be independently decoded by treating all other private messages as noise.

By plugging (3.28) into (3.3), the SINRs of the common messages and the private message

64



experienced at user k are written as

Picg |hh;cB Wic,g|”
INgk zc,g ‘h nglc g‘

Poc |hgfwoc|2
INy;

SINR{; , SINR{j = (3.29)

Pye/h B,yw |2
SINR?, = Hg'“| k20 o] - . (3.30)
INgj, — Pic,g’hnggWic,g’ - ng|hnggng‘

where
Ngk =Y PicalnfiBiwic s> +> > Py[hfiBywy,[* + 1. (3.31)
l 1 j
The achievable rate of the outer common message is given by RIS = log, (14 SINR)

with SINR?¢ = mln {SINR }. The sum rate of the inner common messages is given by
g7

RHRS = S0 | RHES = 570 log,(1 + SINRY) with SINR¢ = min {SINR{.}. The sum
rate of the private messages is given as RHRS Zg 1 ZKQ RHRS = 29:1 Zk:ql logy (14
SINRzk). Then, the sum rate of HRS is written as REES = RfcRS + RIRS 4 Rf RS,

sum

3.3.2. Precoder Design

In contrast to RS, HRS has only access to the channel covariance matrices and the ef-
fective channel estimates Hg = BH H of dimension b, x K,, where Hg =U, A2 Gg =

UgA}]/Q(, /1 — 712 Gy+7yZy) has dimension of M x K. Based on long-term CSIT, the out-
er precoder By is designed to eliminate the leakage to other groups. Denoting the number
of dominant (most significant) eigenvalues of R, by rg and collecting the associated eigen-
vectors as U € CM*7§ | we define U_, =[U4,... ng—l’Unglv -, Ul € CM* g 11
According to the singular value decomposition (SVD), we denote by E" ) the left eigen-
vectors of U_, corresponding to the (M — 3, ., ) vanishing singular values. To re-
duce the inter-group interference while enhancing the desired signal power, B, is de-
signed by concatenating E(_O; with the dominant eigenmodes of the covariance matrix
of the projected channel ﬁ = (E(Og)H H,. The covariance matrix is decomposed as
f{g = (E(O))HU A, UHE( ) =F, A FH, where F, includes the eigenvectors of f{g. De-
note Fg ) as the dominant bg eigenmodes and then B, is given by
B, = EVF(. (3.32)
The outer precoder By can be interpreted as being the b, dominant eigenmodes that are
orthogonal to the subspace spanned by the dominant eigen-space of groups [ # g. b, de-

termines the dimension of the effective channel and should satisfy K, <b, < M -3, rd

and by < r;l (< re) is a design parameter with a sum rank constraint ¢ g1 f;l < M.
The inner precoder W can be designed as RZF, i.e.,
W, =& MgHy, (3.33)
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e ~ ~H
where M, = (H;H, +b, z—:Ibg)_l. By following [7,44,45], the regularisation parameter is
set as e = K /bP which is equivalent to the MMSE linear filter. b is given by b = Zngl by.

Then, the power normalisation factor is 53 = Kg/tr(ﬁfﬁfoBgﬁgﬁg).

The precoder w,. € CM aims to maximise the achievable rate of the outer com-
mon message logy (1 + SINR?®) based on the reduced-dimensional channel estimate ﬁg €
Cls*Kq g, However, there exists a dimension mismatch between w,,. and ﬁg. To address
this problem, we first construct ﬂg = Bgﬁg € CM*Ky and H = [Hy,--- ,Hg] € CM*E,
From (1.11), the columns of H become orthogonal as M — oo and we are able to design
the precoder w,,. in the subspace & = Span(I:I). Following Proposition 3.1 and Remark
3.11in RS, we design the precoder w,. as an equally weighted MBF, i.e., Woe = &oc D, j‘—kﬁ,
where hy, = [H|; and &, normalises w,. to unit norm.

On the other hand, transmit precoding optimisation in multiuser setup is generally a
NP-hard problem. Thus, the optimal precoder of the inner common message w;., that
maximises RfiRS cannot be obtained efficiently. However, when the outer precoder fully

eliminates the inter-group interference, w;., can be equivalently designed to maximise

HRS
Ric,g

design w;.4 as an equally weighted MBF of the effective channel ﬁg. Under further

within each group. Following Proposition 3.1 and Remark 3.1 in RS, we here

assumption that K — oo, we note that M, of the inner precoder Wy (= ¢, M,H,) can
be approximated by an identity matrix. Hence, w;., can be equivalently designed as
an equally weighted MBF of W, ie. w;., = Cmgag, where ag = %ngil Wi, and
2 ~H g =~

- 1/(qg Bg ngg)'

ic,g

3.3.3. Asymptotic Rate Analysis

We shall omit the proof of the asymptotic SINRs of HRS, which is directly established
based on the approach of [7].

Theorem 3.2. As M, K,b — oo with fized ratios % and %, the SINRs of HRS in (3.29)

and (3.30) asymptotically converge as
SINRg; — SINR;™® — 0, SINR;Ck - SINR;C’O — 0, AS'INR];,C — SINRP® — 0,  (3.34)

almost surely, where

P(1—B)(1— 72
SINRe™® = rePU— B~ 7y) , (3.35)

B g (€)1 + (6) Yoy + 12 (€5)72y) +1
_ 0)2 (yo r
SINR;C’O _ 6(12 a) (59) (T99299+ K(DQ)P ’ (336)
B3z (6)7 Top+ Bar (€5)" (Yo + 1 B) + 1
P (¢o)?
SINRP® = P (&)@ , (3.37)
B3 g (€0) Yo+ Bar(€5) Yoy Qg + 1
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with

K K, m! 1 — 72)(me)?2
(53)2 = 75’ \I’; = 797902) gy = % (3.38)
o by (14+mj) (1+mg)
oo PEy My o K —1(-m(-(emy) g
gt Kb, (1+mp)2 7 K, (1 +mg)?
, étr(RgngBfBng) , étr(R”TlelTl)
mg = Kg = = ’ mgl = Kg — — (340)
1 HtT‘(RggTQRggTQ) 1 WtT(R”TlR”Tl)
bg (14+mg)?2 T b (Imd)2
tr(Rgy)? _
Fg = GT( oa)_ , Ry =B{'R;B, Vy,! (3.41)
> it Kgtr(Ry)

and my and Ty the unique solutions of

1, - K, R -
o= —tr(RgyT Ty=|-"2—% I : 3.42
Mg by r(RggTy), Ty <b91+m2+€ bg> (3.42)
It follows from (3.34) 2 (RYHS — RIS M9 0 where RIESe — ZgG:1 Kglogy (1 +

SINRE®), L(RERS — RIIFS°) M50 0 where RIS = 320 log,(1 + SINRI), and
that RERS — RIASS M2 0 where R = logy(1 + SINR*°) with SINR®° =

min {SINR{“°}. Then, an approximation RITS® of the sum rate of HRS is obtained
g

as
sum

HRS, o __ pHRS,0 HRS,o HRS,0
R =R,,"° +R;, + R, . (3.43)

Likewise, the asymptotic sum rate of conventional TTP scheme in (3.26) converges as
(RETP — Rl ) /K "75°0, where Rl ® = 328 | Ky logy(1 + SINRTTP9) and

sum

% (6)°®,
0)2 ~ro 0\ 2o ’
Zl;«ég (gl ) Tgl + (’Eg) TQQQQ +1

TTPo _
SINR!TFe = (3.44)

and the first term in the denominator of (3.44) containing T;l(f{gl) denotes inter-group
interference while the second term with €,(72) refers to intra-group interference. The

sum rate gain of HRS over conventional two-tier precoding No-RS is quantified by

ARMES® =N [y (logy(1+SINRE®) —log,(1+SINR]TP°)) + REERSe + RIS (3.45)
g

3.3.4. Power Allocation

Since « and 3 are coupled in the SINR expressions (3.35) ~ (3.37), a closed-form and op-
timal solution that maximises Rﬁ{ﬁs"’ cannot be obtained. Following a similar philosophy
as in Section 3.2.4, we compute a closed-form suboptimal but effective power allocation

method, by which the private messages of HRS are transmitted with a fraction of the
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total power and achieve nearly the same sum rate as conventional No-RS strategy with

TTPo R;IRS@

full power, i.e., Rsum . Then, the remaining power is utilised to transmit the

common messages and enhance the sum rate. We can write
SINRE® < SINR[T°, vy, (3.46)

for Vo, 8 € (0,1]. Consider two extreme cases: weak and strong inter-group interference.
Based on (3.44), the notation of ‘weak’ implies that the inter-group interference is suffi-
ciently small and thus negligible, i.e., T;l — 0,Vg # [. The sum rate RLLP is limited
by the intra-group interference. On the contrary, the notation of ‘strong’ means that the

inter-group interference dominates the rate performance, i.e., >, (§l°)2 o, > (5;)2T;g.

Proposition 3.3. The equality of (3.46) holds when the power splitting ratios «, B are

given as

K
B=1, a:min{P'I‘?IG, 1} (3.47)

in the weak inter-group interference regime, and as

K
—min{— 52 1}, a=1 3.48
b {P-Fgg—l—Kg ( )

in the strong inter-group interference regime, where

, K, tr(RaRy") C(TEby (K, —1)
Tog = min { T Tig=min{ L9 2%, (3.49)
g % K wr(Ry") o LK tr(Ryy)
Proof. See Appendix B.3. O

Remark 3.3. When the inter-group interference is negligible, HRS becomes a set of
parallel RS in G groups, i.e., the outer common message is unnecessary. By contrast,
when the inter-group interference is the dominant degrading factor, the inner common
message and private messages transmission is limited and HRS boils down to RS.For the
general inter-group interference case, finding simple closed-form «, B that guarantees a
sum rate gain of HRS over conventional No-RS is challenging. Nevertheless, motivated
by the design philosophy of power allocation in the extreme cases, we induce a threshold
by which SINRL® = p - SINRQTTP’O (e.g., p = 0.9). By following the proof of Proposition

3.3, we compute the power allocation factors as follows: 8 = min {m, 1}, a=
min {P-(FOMCET(?EJRGHN 1}. The threshold 1 should be carefully designed for certain

system setting.

From (3.47) and (3.48), we have a = § = 1 at low SNR and HRS becomes conventional
two-tier precoding No-RS strategy. Namely, the effect of imperfect CSIT /overlapping

eigen-subspaces on the private messages transmission is negligible and common messages
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are not needed. Otherwise, the rate performance of conventional two-tier precoding No-
RS strategy saturates at high SNR while HRS exploits a fraction of the total power (o < 1

or f < 1) to transmit the common message(s) and enhance the sum rate.

Corollary 3.1. With power allocation of Proposition 3.3, the sum rate gain ARTTS° qt
high SNR is lower bounded as

ARIESe > Z (logy(1 + SIN. ;C’O) — logy(e)), (3.50)
g

in the weak inter-group interference regime, and as
ARHES® > Jog, (1 4+ SINR°) — logy(e), (3.51)

in the strong inter-group interference regime.

Proof. See Appendix B.4. O

Remark 3.4. Here are some interpretations of Proposition 3.3 and Corollary 3.1.

e Power allocation to the private and common messages: The intra-group

2

power splitting ratio (o) decreases as T increases. Namely, in order to alleviate

intra-group interference, we should allocate less power to the private messages as

2

the CSIT quality gets worse (1% — 1). Similarly, the inter-group power splitting

o

ratio () drops as the inter-group interference Y, g # | becomes larger. From

g’
(3.47) ~ (3.48), the power given to the privates messages is an invariant of P at
high SNR
K .
oo UB<1
Y ) Py=Pap= { e , (3.52)
Pl T otherwise

which places private message decoding back into the non-interference-limited regime.

Meanwhile, the power allocated to the common messages linearly increases with P.

o Sum rate gain: HRS exploits the extra power beyond saturation of conventional
No-RS strategies to transmit the common message(s), leading to a sum rate that
increases with the available transmit power. In the weak inter-group interference
regime, HRS becomes a set of parallel inner RS. Based on (3.50), the sum rate gain
ARTES° increases by G bps/Hz for each 3 dB power increment at high SNR. By
contrast, HRS boils down to RS in the strong inter-group interference regime and
ARHRS® jncreases by 1 bps/Hz for each 3 dB power increment at high SNR.

3.4. Performance Evaluation

Numerical results are provided to validate the effectiveness of RS/HRS. Uniform circular

array with M = 100 antennas are equipped at the BS. Consider the transmit correlation
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Figure 3.1.: Sum rate comparison: RS asymptote (AS) approximation vs. RS Monte
Carlo (MC) simulation for various CSIT qualities and SNRs.

model in (3.1), the antenna elements are equally spaced on a circle of radius AD, for

_ NG S /1‘2-)5)%' T leading to a minimum distance A\/2 between any two
—COS( 4T s 27
antennas.
3.4.1. RS

K =5 users are assumed to be distributed uniformly at an azimuth angle 6, = 27k/K
and angular spread Ap = w/6. We compare RS with RZF-precoded conventional No-
RS (No-RS_RZF) [7] and TDMA. Two types of RS are investigated: exhaustive search
(RS_EXS) and closed-form (RS_CLF). Specifically, RS_EXS performs a simulation-based
exhaustive search with step 0.01 for the best power splitting ratio ¢t. RS_CLF allocates
power by following Proposition 3.2.

In Fig. 3.1, we can observe that the asymptotic approximation Ri‘ﬁfﬁ" derived in The-
orem 3.1 effectively characterises the sum rate of RS for a variety of CSIT qualities and
SNRs. Fig. 3.2 shows that RS_CLF achieves almost the same sum rate as RS_EXS.
This verifies the efficacy of the proposed power allocation scheme (3.24). Moreover, the
multiplexing gain of RS is approaching 1 at high SNR. RS behaves as No-RS_RZF in the
low to medium SNR regime. At high SNR, the sum rate of RS linearly increases with
the transmit power (dB) as TDMA. By contrast, No-RS_RZF suffers from a rate ceiling
effect due to partial CSIT. ‘RS_p’ denotes the sum rate of the private messages in RS
transmission, which confirms the power allocation scheme in Section 3.2.4. Namely, RS

allocates a fraction of power to transmit the private messages so as to achieve approx-
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Figure 3.2.: Sum rate comparison: RS vs. conventional No-RS and TDMA, in a setup
with 72 = 0.4.
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Figure 3.3.: Sum rate gain of RS over conventional No-RS for various antennas/users ratio
(n = M/K).
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Figure 3.4.: Sum rate gain of MBF-precoded RS over conventional RZF-precoded No-RS,
in a setup with K = 5.

imately the same sum rate as No-RS_RZF with full power. Then, using the remaining
power to transmit the common message enhances the sum rate. In Fig. 3.2, the rate loss
RRZE _ Rfs is 1.3 bps/Hz at high SNR, which is lower than log,(e) and agrees with
Remark 3.2.

In Fig. 3.3, the CSIT quality is set as 72 = 0.5. The sum rate gain of RS over No-
RS_RZF degrades with larger K (smaller n), which confirms the discussion in Remark
3.2. Namely, the sum rate gain as well as the achievable rate of the common message
becomes smaller as the number of users increases.

In general, a low-complexity precoder is desirable for massive MIMO systems [85]. MBF
enjoys the lowest precoding complexity while ZF /RZF that achieves a much better per-
formance than MBF involves complicated matrix inversion. Interestingly, RS enables to
meet a certain sum rate requirement with a highly-reduced precoding complexity com-
pared with No-RS_RZF. To identify the computational benefits of RS, Fig. 3.4 compares
RS (MBF-precoded private messages) with RZF-precoded No-RS. The power splitting
ratio ¢t of RS is computed via an exhaustive search?. Recall that we assume a prede-
fined set of K user is scheduled, we observe that RS with MBF reaches the same rate
performance as No-RS with RZF at SNR = 30 dB. In fact, RS simplifies the precoding
design and decreases the computational complexity at the cost of an increased encoding

and decoding complexity.

2By calculating the asymptotic SINR of RS with MBF-precoded private messages, the closed-form ¢ can
be obtained via (3.24).
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3.4.2. HRS

For simplicity, we assume 7, = 7, K, = K, by = b,Vg. Consider K = 12 users equally
clustered into G = 4 groups. We compare the proposed HRS strategy with the following
baselines: Baseline 1 (No-RS with two-tier precoder [44]), Baseline 2 (Baseline
1 with user scheduling at the group level): Within each group, a single user with the
largest effective channel gain is selected and the precoder of the private message intended
to each user is MBF. Baseline 3 (Baseline 1 with user scheduling at the system
level): User scheduling is performed at the system level such that the best user among
all is selected. Two types of HRS are investigated: exhaustive search (HRS_EXS) and
closed-form (HRS_CLF). Specifically, HRS_EXS performs a simulation-based exhaustive
search with step 0.01 for the best power splitting ratios o and . HRS_CLF allocates
power by following the closed-form solution in Proposition 3.3.

1) Validation of the Asymptotic Rate Analysis: We compare the asymptotic
sum rate (3.43) with simulations. Various CSIT qualities have been simulated and 72 =
{0,0.4} are taken as examples. For the outer precoder design, we set b = 15 such that
K<b< M- (G-1)r? and b < r?, where ¥ = 20° includes the dominant eigenvalues
of Ry,Vg. To verify the effectiveness of the asymptotic sum rate approximation of HRS,
we consider two scenarios with disjoint and overlapping eigen-subspaces, respectively. As
an example, we set 0, = —5 + §(g — 1) and Ay = A = §,Vg corresponding to disjoint
eigen-subspaces ([0g — Ay, 0y + Ay N[0 — Ay, 0+ A)] = 0,V1 # g) while Ay = A =T Vg
leading to eigen-subspaces overlap.

In the scenario with disjoint eigen-subspaces, the inter-group interference is negligible
and thereby the outer common message is unnecessary. When we further have perfect
CSIT (72 = 0), there is no intra-group interference and the inner common messages are
not needed. In this case, HRS boils down to two-tier precoding No-RS. Fig. 3.5 shows
that the asymptotic sum rate Ri{lﬁs" matches exactly the simulation result. As the CSIT
quality decreases (increased 72), inner common messages are exploited to mitigate intra-
group interference. The asymptotic approximation (3.43) becomes less accurate but still
valid to capture the asymptotic sum rate of HRS.

By contrast, larger angular spread leads to larger rank of the spatial correlation matrix.
With outer precoder design as (3.32), a large fraction of power included in the weak
eigenmodes is leaked into other groups, leading to strong inter-group interference. Fig.
3.6 indicates that the sum rate of HRS can be approximately captured by (3.43). In the
low to medium SNR regime, HRS behaves as two-tier precoded No-RS where the rate

gap between the asymptotic approximation and the simulation %(Rf RSe _ R;;IRS ) =
%(R;‘C&P’o — RITPY s within 0.2 bps/Hz. A similar behaviour can be observed as well in

3In this configuration, % can be chosen as large as 25 due to M = 100, G = 4. Here, we set ¢ = 20
since a relatively smaller 7% enables to select stronger eigenmodes Fgl) thanks to the larger dimension
of orthogonal subspace M — Zl#g r¢. In fact, simulation results revealed that HRS with 7% = 20 can

achieve higher rate than that achievable with ¢ = 25. We omit the simulation results for conciseness.
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Figure 3.5.: Sum rate comparison: HRS asymptote (AS) approximation vs. HRS Monte-
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[7,45]. At high SNR, the simulation Rf RS is around 1 bps/Hz lower than the asymptotic

Rf 50 hecause the SINR of the outer common message SINR® = mikn {SINRg;} is
g,

upper bounded by its asymptotic SINR?° for large but finite M. For example, when the
precoder of the outer common message is designed such that all users experience the same
SINR?%°, the asymptotic approximation is given by SINR’“° while the simulated SINR®®
is the minimum rate among all. It can be verified that this effect is mitigated when the
channel hardens as the number of transmit antennas increases.

2) Rate Performance Comparison: Fig. 3.7 and 3.8 evaluate the benefits of HRS
under partial CSIT (72 = 0.4) with the same system configuration as Fig. 3.5 and Fig.
3.6. With disjoint eigen-subspaces (negligible inter-group interference), Fig. 3.7 shows
that conventional No-RS strategy with two-tier precoder (Baseline 1) saturates at high
SNR due to intra-group interference while user scheduling enables a multiplexing gain
of 4 (Baseline 2) and 1 (Baseline 3), respectively. According to Proposition 3.3, HRS
becomes a set of parallel inner RS. We observe that the proposed HRS strategy exhibits
substantial rate gain over various baselines. For instance, the sum rate gain of HRS
ARHES oyer two-tier precoding No-RS at SNR = 30 dB is 15.5 bps/Hz. Based on (3.50)
in Corollary 3.1, the asymptotic sum rate gain AR#R5° is 19.5 bps/Hz. The 4 bps/Hz

rate gap between ARTRS and AR5 is explained as follows. The simulated rate loss
TTP HRS
R - R,

sum

is indeed upper bounded by G logs(e) as (B.16). However, the simulated
RHRS HRS,0
1c

sum rate of the common messages is around 4 bps/Hz lower than R;, .
With severely overlapping eigen-subspaces (strong inter-group interference), HRS boils
down to RS (with reduced-dimensional CSIT) at the system level according to Propo-
sition 3.3, i.e., inner common messages are not transmitted. Fig. 3.8 reveals that HRS
outperforms two-tier precoding No-RS with/without user scheduling. The sum rate en-
hancement of HRS over two-tier precoding No-RS at SNR = 30 dB is 1.5 bps/Hz.

Interestingly, in both settings of Fig. 3.7 and 3.8, the closed-form power allocation
achieves almost the same sum rate as that of a simulation-based exhaustive search. This
verifies the effectiveness of the power allocation strategy in Proposition 3.3. In Fig. 3.7
and Fig. 3.8, respectively, we observe that the sum rate gain ARTRS of HRS over two-tier
precoding No-RS increases by nearly G bps/Hz and 1 bps/Hz for any 3 dB increment of
power at high SNR, which verifies the discussion of Remark 3.4.

In a nutshell, HRS exhibits robustness w.r.t. CSIT error and eigen-subspaces overlap.
HRS behaves as two-tier precoding No-RS at low SNR, where the effect of imperfect
CSIT /overlapping eigen-subspaces on the sum rate of transmitting private messages is
insignificant. At high SNR, by transmitting common message(s), the asymptotic mul-
tiplexing gain of HRS amounts to that of two-tier precoding No-RS with perfect user
scheduling. Meanwhile, HRS exploits the rate benefits of two-tier precoding No-RS by
transmitting the private messages with a fraction of the total power.

Comparing baseline 1 with baseline 2, we see the importance of user scheduling for

No-RS strategy. User scheduling would obviously be useful to HRS as well, but HRS
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shows a very competitive performance even without user scheduling. This is particularly
attractive in massive MIMO where the number of users (K) can potentially be large.
Hence, HRS would decrease the burden on the scheduler and the precoder design but

increases the complexity of the encoding and decoding schemes.

3.4.3. RS vs. HRS

To examine the suitability of HRS in spatially correlated massive MIMO, we compare
HRS to No-RS_RZF /RS with full-dimensional CSIT in Section 3.2 and two-tier precoding
No-RS with reduced-dimensional CSIT for various CSIT qualities. We assume the same
system configuration as Fig. 3.7. Overall, Fig. 3.9 shows that a lower CSIT quality (i.e.,
larger 72) degrades the rate performance of these schemes.

In Fig. 3.9, we take 72 = 0.4% as an example. The sum rate of RS slightly outperforms
No-RS_RZF around 1 bps/Hz. Recall that the achievable rate of the common message
in RS is the minimum rate among all users (K = 12). Thus, the sum rate gain from
transmitting a common message appears small at SNR = 30 dB. By contrast, the sum
rate gain of HRS over No-RS_TTP is 15.5 bps/Hz. The large gain of HRS is enabled
by multiple inner common messages while the achievable rate of each inner common

message is the minimum rate among a smaller number of users (K = 3). This observation

4“When the CSIT imperfectness is incurred by quantisation error, the number of feedback bits required
to achieve a certain CSIT quality is proportional to the dimension of the quantised channel. Then, the
CSIT quality of two-tier precoding No-RS/HRS is better than that of one-tier precoding No-RS/RS
for a given number of feedback bits. The rate gap between one-tier and two-tier precoding strategies
can be even larger. Nevertheless, we assume the same CSIT quality for simplicity of exposition.
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confirms that if the channel second-order statistics is available at the BS, the proposed
HRS transmission strategy is better suited for massive MIMO deployments than a simple
RS transmission strategy.

With reduced-dimensional CSIT, No-RS with two-tier precoder (No-RS_TTP) and HRS
achieve much higher rates than No-RS_RZF and RS. This is because the outer precoder
exploiting long-term CSIT partitions users into a set of non-interfering groups. Each user
experiences interference from fewer users (i.e., only users in the same group) compared

with No-RS_RZF and RS.

3.5. Summary and Conclusion

Due to partial CSIT, the rate performance of conventional No-RS schemes is severely
degraded by multiuser interference. To tackle this issue, a Rate-Splitting approach has
been proposed. RS packs part of one selected user’s message into a common message
that can be decoded by all users and superimposes the common message on top of the
private messages. We generalised the RS strategy into the large-scale array regime. By
further exploiting the channel second-order statistics and a two-tier precoding structure,
we proposed a novel Hierarchical-Rate-Splitting strategy. Particularly, on top of the
private messages, HRS transmits an outer common message and multiple inner common
messages that can be decoded by all users and a subset of users, respectively. The outer
common message tackles the inter-group interference due to overlapping eigen-subspaces
while the inner common messages help with mitigating the intra-group interference due
to partial CSIT.

For RS and HRS, we derived the precoder design, asymptotic rate performance and
power allocation. Interestingly, to meet a certain sum rate requirement, RS highly de-
creases the complexity of precoder design and scheduling at the expense of an increase in
complexity of the encoding and decoding strategy. Moreover, simulation results showed
that the rate performance of conventional No-RS strategies saturates at high SNR due
to partial CSIT and the sum rate gain of RS over No-RS with RZF increases with the
available transmit power. When users in different groups have disjoint eigen-subspaces,
the sum rate gain of HRS over No-RS with two-tier precoder is much larger than the
gain achievable with RS. In a nutshell, RS and HRS exhibit robustness w.r.t. CSIT error
and/or eigen-subspaces overlaps while HRS is a general and particularly suited framework
for the massive MIMO deployments.

We believe that the idea of RS and HRS has a huge potential in a wide range of wireless
systems including massive MIMO and single-cell /multi-cell multiuser MIMO broadcast
channel, operated at microwave/mmWave with FDD /TDD mode, equipped with sufficien-
t/limited RF chains at the BS. In practice, CSIT is imperfect due to imperfect channel
estimation, limited feedback, antenna miscalibration, pilot contamination, etc. The effec-

tiveness of RS and HRS has been demonstrated to mitigate the resultant interference.
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4. A Novel Multiuser Millimeter Wave
Beamforming Strategy with Quantised
and Statistical CSIT

In addition to the massive MIMO considered in prior section, it is well known that Mil-
limeter Wave (mmWave) MIMO is also a promising candidate for improving the spectrum
and energy efficiency for 5G cellular networks. In this chapter, we turn to investigate the
multiuser mmWave systems with partial (specifically quantised) and statistical CSIT.

When the mmWave system is considered, a hybrid analog and digital precoding is
typically employed to tackle the RF hardware constraint. The conventional beamforming
strategy determines the hybrid precoder relying on a two-stage feedback scheme [17], as
introduced in Section 1.7.6. Specifically, the analog precoder is designed to maximise the
desired signal power of each user by beam search and feedback. Then, the digital precoder
depends on the random vector quantisation (RVQ) and feedback of the effective channel
(the channel concatenated with the analog precoder).

In presence of statistical CSIT, we propose a hybrid precoding design using a one-stage
feedback scheme which can effectively reduce the complexity of signalling and feedback
overhead. Specifically, we make use of all feedback overhead for the first stage to enable
precise design of beamforming directions and take advantage of the second-order channel
statistics to mitigate multiuser interference. Hereinafter, this is referred to as One-Stage
Feedback plus Statistical CSIT (‘OSF + Stat’)-based hybrid precoding scheme. To make
a fair comparison, we consider an enhanced design of [17] by employing a second-order
channel statistics-based quantization codebook in the second-stage feedback. Hereinafter,
this is referred to as the Two-Stage Feedback plus Adaptive Codebook (‘TSF + Adp
CB’)-based hybrid precoding scheme. With a fixed total feedback constraint, we mainly
investigate the conditions under which the one-stage feedback scheme outperforms the
conventional two-stage counterpart.

Moreover, the multiuser interference is still a limiting factor for mmWave systems
due to imperfect CSIT and leads to a performance degradation. A rate-splitting (RS)
transmission strategy is introduced to tackle this issue. The benefit of RS is discussed in

the context of multiuser mmWave systems.
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Figure 4.1.: Block diagram of multiuser mmWave downlink system model with hybrid
precoding and limited feedback. Solid lines indicates the feedback require-
ment of the hybrid precoding scheme in Section 4.2.1. Dash lines represents
the additional requirement of the hybrid precoding scheme in Section 4.2.2.

4.1. System Model

Consider a multiuser downlink system where the BS equipped with M antennas and N RF
chains serves K(< N < M) single-antenna users over mmWave channels. For simplicity,
we assume that the BS only uses K out of N RF chains, which provides a lower bound
on the rate performance. A hybrid RF beamformer F € CM*K and digital precoder
W e CEXE gtructure is employed at the BS as depicted in Fig. 4.1. Since the RF
beamformer is implemented using phase shifting networks, a constant modulus constraint
is imposed on its entries. Without loss of generality, we assume that [F},,,, = ﬁejwm’".

The channels in the mmWave bands tend to be sparse and we assume a ray-based
geometric channel model with limited paths [10,11]. Under this model, the channel

vector from user k is defined as

Ly,
M M
hy, =4/ I, ;gk,z a(fk1) =4/ kakgk7 (4.1)

where the path gain vector gr = [gr1, - ,0k.r,] has independent and identical dis-
tributed (i.i.d.) CAN(0,1) entries and varies independently across different time slots.
A = [a(0k1), - ,a(0kr,)] € CM*Ex contains Ly steering vectors and 6y, € [0, 7] are
the angle-of-departure (AoD) of I path. Accordingly, the long-term channel covariance

matrix of hy can be computed as

M

Rk:E{hkth}:L—k

which mainly depends on the AoDs. It is well known that the fading channel statis-
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tics (e.g., AoDs) are wide-sense stationary (WSS) due to its scattering-dependency. In
particular, the AoDs remain invariant over the entire duration of transmission in typical
mmWave scenarios [86]. Hence, prior to the transmission, the AoD information can be
efficiently extracted by channel estimation techniques such as [57]. For ease of exposition,
R, is assumed to be perfectly known at the BS.

While the design in this Section is applicable to arbitrary antenna arrays, we consider
a uniform linear array (ULA) for ease of exposition. Under the plane wave and balanced

narrowband array assumptions, the array steering vector can be written as

a(B) = —|[1, P25 c0sOk) . | gi2m 5 coso )T (4.3)
where )\ is the wavelength and d = % is the antenna spacing.

4.2. Multiuser Hybrid Precoding

In this section, we consider the conventional multiuser transmission strategy with two
hybrid precoding schemes, ‘OSF + Stat” and ‘TSF + Adp CB’, based on one-stage and
two-stage feedback, respectively. With a fixed total feedback constraint, we explore the
conditions under which the ‘OSF + Stat’ scheme outperforms the ‘IT'SF + Adp CB’
counterpart. Moreover, the rate performance of the ‘OSF + Stat’ scheme is analysed
both in single-path channel and in the large-scale array regime with multiple paths.

In the conventional multiuser transmission strategy, the transmitted signal and the

received signal of user k£ can be written as

K
x = FWPs= Z / PiFwy, sk, (4.4)
k=1
K
e = VP thka Sk + ‘/Pjhk’HZFWj 55 +ng, (4.5)
i#k

multiuser interference

where s = [s1,--- ,sk]T € CK is the data vector intended for the K users. The transmit
power is uniformly allocated among users, i.e., P = \/P/K - I and |[Fwg|[? = 1. nj ~
CN(0,1) is the additive white Gaussian noise. Then, the SINR of user k is computed as

p | hg erwy |*

SINR;, = ,
L+ p3 ik Dk enw;|?

(4.6)

where we define the effective channel by hy, .4 = Ffh;, € C5*! and p = P/K. The sum
rate can be written as Reun = Y 1, 10gs(1 + SINRy). To facilitate a low complexity

design, F and W are determined in a decoupled manner [17].
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4.2.1. One-Stage Feedback Scheme

The ‘OSF + Stat’ hybrid precoding scheme uses all feedbacks to precisely design the ana-
log beamsteering while exploiting the statistical CSIT to mitigate multiuser interference.
Let F represent the RF beamsteering codebook, where F = {a(Gq)lﬁq = %,q € [1,@]}
with cardinality |F| = Q = 2Z. For each channel realisation, the BS searches beams
in the codebook and user k feeds back the index of the codeword that gives the maxi-
mum received power. Efficient beam search algorithm can be found in [87] and references
therein. Then, the BS sets the selected codeword as fy, i.e.,

{fi} = arg max |hf f;|2. (4.7)
fLeF

We assume full rank F (i.e., users have different dominant paths and the BS has distinct
beamforming direction for each user). The probability of this event goes to one for
independently and randomly distributed AoDs, large AoDs space and feedback overhead
B =logy(M)?.

As F and Ry, are known to the BS, the BS can equivalently compute the covariance
matrix of the effective channel hy, ¢ = Flh;, € CEX1 a5 Ry o = FAR,F € CK*K | From
(4.2), the sparse nature of mmWave channel leads to low rank Ry, such that Ry g can
be used to effectively mitigate the multiuser interference. Noting that W € CKXK

straightforward design of the digital precoder wy, of user k lies in the nullspace of S, i.e.,

wy = Null{S;}, (4.8)

where S, = Span({umax(Rjes) : j # k}) is defined as the space spanned by the dominant
eigenvectors of K x K channel covariance matrices R ¢ of all other users j # k. This
design intends to minimise the multiuser interference in a statistical sense but overlooks
the desired signal power. To overcome this problem, we adopt a SLNR metric which
strikes a balance between the desired signal power and the interference imposed to other

users g 5
p |hk,effwk ‘

L+p3 2 |hfeffwk|2'

The SLNR metric has been widely used for designing multiuser transmit beamforming

SLNR;, =

(4.9)

[6,70]. Then, W is designed by maximising a lower bound on the average SLNR

H
pwi Ry oWy

E(SLNR;) > SLNREE = ,
( £) 2 r L+pd i WHR; oaWp,

(4.10)

which is obtained by the convexity of f(z) = 1/z. The optimal unit norm wy that

!The total feedback overhead B = 6 ~ 8 can support a large antenna array with dimension 64 ~ 256
and therefore this assumption is valid in practice.
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: Input: ‘OSF’: RF codebook F of size |F| = 2% or ‘TSF’: RF codebook F of size
2BrF and statistical CSIT-based digistal codebook Cy, of size |Cy| = 2885

2: First stage: Single-user RF beamforming (F)

Downlink beam search and uplink feedback with (4.7)

: Second stage: Multiuser digital precoding (W)

‘OSE’: statistical CSIT ZF (4.8) or SLNR-based (4.11) or

‘TSF’: channel quantisation and feedback with (4.20) and instantaneous CSIT

ZF (4.22) or SLNR-based (4.24)

A iy

Table 4.1.: Hybrid precoding schemes

maximises the lower bound in (4.10) is the generalised eigenvector given by [88]

Wi = Upax ((/1)1 + > Rjen) Rien)- (4.11)
J#k

Subject to the total transmit power constraint, the digital precoder is then normalised
as wy = HFYVT’“k” The ‘OSF + Stat’ hybrid precoding scheme is summarised in Algorithm
4.1. Next, we analyse the achievable sum rate in single-path channels and in the large
array regime respectively. The analysis in these special cases gives insights into the rate
performance of more general settings.

1) Single-path channels: When L, = 1,Vk, the channel covariance matrix Ry =
M akakH is rank one. Equivalently, the direction of the instantaneous channel is per-
fectly known at the BS. The composite channel matrix can be written as H = A -
Mdiag{g1, - ,g9x} with A £ [a;,--- ,ax]. To maximise the desired signal power, the
BS steers beams to each user via matched beamforming, i.e., F = A. Then, the effective
channel matrix becomes Heg = AY A and the digital precoder is designed as ZF, i.e.,

W =H_; = (AHA)~!. The achievable rate of user k is given by

M 2, HF 2
Ry = log, (1 +—Fr |g’“2’ 2y W’;' 2) (4.12)
L+ pM|gg|® - 3254 |y, Fwj|
pM |gx|?
— log, (1 + 7_1) (4.13)
(AHA),

which coincides with [17, Theorem 1]. [17] assumes continuous angles of the RF beam-
steering vectors and perfect effective channel knowledge, i.e., both the RF codebooks
and the effective channel quantisation codebooks are assumed with infinite resolution.
By contrast, we assume perfect statistical CSIT. It implies that in single-path mmWave
channels, second-order channel statistics are sufficient to achieve the same rate as that
achievable by infinite resolution codebooks.

2) Large array regime: For tractability, the rate analysis of multi-path channel is
based on the assumption of a ULA with a large scale transmit antennas. In this case, the

channel model (4.1) can be well approximated by virtual channel representation [5, Ch. 3]
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L
M M
hy, =/ T l§1 ki€l =\ T E.gk, (4.14)

where Ly = L,Vk is assumed for simplicity. The steering vectors E; contains L columns
of the DFT matrix E. Without loss of generality, we assume the path gains in descending

order |gg 1| > ... > |gk.|. The corresponding channel covariance matrix is expressed as

M M
R, = fEkEH = fEDkEH, (4.15)

where Dy, = diag{dy}, dx € {0,1} and |di|lo = L (i.e., rank(Ry) = L). Below, we
analyse the achievable rate of the proposed ‘OSF + Stat’ scheme in two special cases.
Non-overlapped: the AoD spread and user locations are well separated such that users
exhibit mutually non-overlapped multi-paths.
Fully overlapped: users are confined into an area such that all users share the same

AoDs and thus the same channel covariance matrix R.

Proposition 4.1. Based on (4.11), the achievable rate of user k of the proposed ‘OSF +

Stat’ hybrid precoding scheme in the large array regime is respectively given as

M
Ry = log, (1 + pf|gk71|2) (4.16)

i the non-overlapped scenario, and as

P19k )

Ry > log, (1 + "
1+ P’% > 1o |gkl?

(4.17)

in the fully overlapped scenario.
Proof. See Appendix C.1. O

Remark 4.1. When the AoDs of each user are non-overlapped, (4.16) shows that statisti-
cal CSIT is able to completely remove the multiuser interference. (4.16) also serves as the
interference-free per-user rate Rj, with p = P/K. When the channels are very sparse (i.e.,
small L) or have dominant path (i.e., |g1| > |gi|, ¥l > 2), we observe in (4.17) that the
multiuser interference term ZZLZQ |g;€7l|2 can be neglected at practical SNR. It implies that
the long-term channel statistics enables efficient interference nulling in above scenarios.
By contrast, the closed-form achievable rate in partially overlapped AoDs scenario cannot
be easily attained due to the complicated structure of wy, in (4.11). Nevertheless, we note
that Ry, is upper and lower bounded by (4.16) and (4.17), respectively. To get insights into
the rate performance of ‘OSF + Stat’ in partially overlapped AoDs scenario, we quantify
the rate gap between (4.16) and (4.17) as follows.
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Corollary 4.1. For the proposed ‘OSF + Stat’ hybrid precoding scheme in the large
array regime, the average rate gap ARy between the worst-case (fully overlapped AoDs)
and best-case (non-overlapped AoDs) is upper bounded by

L-1

ARy, < log, (1 + pMT>. (4.18)

Proof. According to (4.16) and (4.17), we have

M M & M
2 2 2
ARy < ]E[logQ (1 +Pf|gk,1| )+log2 (1+PL;|gk,l| ) — logy <1+PL;’9k,l| )}

M
2
< E[logz (1 + 07 D Lol )} (4.19)
=2
By further using Jensen’s inequality, (4.18) is obtained. O

Corollary 4.1 shows the upper bound on the rate gap between arbitrary overlapped sce-
narios and interference-free single-user transmission. This rate gap upper bound increases
with p, which suggests that the statistical CSIT can barely mitigate multiuser interference
in the fully overlapped AoDs case. Nevertheless, the AoDs of users in mmWave systems
are sparse and randomly distributed. Thus, AoDs are unlikely to be heavily overlapped.
The proposed ‘OSF + Stat’ hybrid precoding scheme can still effectively mitigate the

multiuser interference, as shown in Section 4.4.1.

4.2.2. Two-Stage Feedback Scheme

Under a fixed total feedback overhead constraint, the ‘TSF + Adp CB’ hybrid precod-
ing requires to partition the feedback into two stages. The second-stage feedback (Bpp)
is used to effectively quantise the channel hy .. Rather than using RVQ? codebook as
in [17], we employ a statistical CSIT adaptive codebook which has been intensively dis-
cussed in the literature [32,41]. Then, the digital precoder is computed based on the
effective channel quantisation and thus more capable to mitigate multiuser interference
than statistical CSIT-based digital precoder in ‘OSF + Stat’ scheme. However, the resid-
ual feedback (Brp = B — Bpp) can only enable coarse analog beamforming and may lead
to an undesired rate performance.

The RF beamforming follows (4.7) with |F| = 282 and the effective channel is given
as hy o = Fh;. The channel quality information (CQI) (i.e., the effective channel gain
|hger||) is assumed perfectly known to the BS while the channel direction information
(CDI) hy, o = hy; ot/ ||k o] is quantised, denoted as flk7eﬁ‘, and then fed back to the BS. A

classical channel matching metric is adopted for the effective channel quantisation, where

2RVQ is known as the asymptotically optimal codebook in the large array regime when used for beam-
forming in an ii.d. Rayleigh fading channel [89]. However, the effective channels at the mmWave
bands are unlikely to be i.i.d. due to the highly directional link.
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each user selects the best codeword that maximises the inner-product with its channel
direction, i.e.,

hy o = arg max |[hil g cpl?. (4.20)
crECy ’

According to (4.2), the geometric multi-path channel model (4.1) can be written as
spatially correlated model hy, = R,lg/ 2gk. Then, the effective channel can be equivalently
treated as hy o = Ri{jﬁ g, with positive semi-definite (PSD) Ry e = FAR,F. In this
setting, the channel space is no longer a hypersphere in C¥ but a hyperellipse stretched
by the eigenvalues of Ry ¢. Hence, a skewed codebook is preferable which multiplies
Ciia = {c1, -+ ,Cynpp } (that is specified to i.i.d. channels) to RifH [90], i.e.,

Rllc/e2ff Ci
Cr = {1’/2 : (4.21)

IR e €l

With the knowledge of i?\lkyeff, W can be designed as the ZF precoding, i.e.,

-~ ~H =~

W =Hg (HgHeg) (4.22)

where ﬁeg = [ﬁLeff, e ,ﬁ K.eft]. Moreover, inspired by the statistical CSIT SLNR-based
design of W in Section 4.2.1, we here derive an imperfect CSIT SLNR-based design for
a fair comparison between the proposed two schemes. Briefly, the SLNR based on the

quantised CSIT flk@ﬁﬂ = ||h e - }_lkyeff writes as

p ‘hllc{,eﬁwk ‘2

SLNR,, = —, (4.23)
L+p Zj;ﬁk |hjyeffwk|
and the optimal unit norm wy, that maximises (4.23) is given by
1 e
Wi = umax((*I + Z hj,effhfeff) hk,eﬁpth,eff>
P ,
J7#k
1 —~ ~p -1
= (14X bjehfly) e (4.24)
P ik
Then, we normalise it as wy = m The ‘TSF + Adp CB’ hybrid precoding scheme

is summarised in Algorithm 4.1. Next, we analyse the effect of Bgp on the sum DoF
(also referred to as multiplexing gain). Based on the design of (4.20) ~ (4.22), when Bpp
is small and independent of SNR, the achievable rate of the system eventually saturates
(i.e., DoF = 0). In order to achieve a non-zero DoF, Bpp should scale at a rate linearly

increasing with SNR as follows.

Proposition 4.2. If Bpp is scaled as Bgp = O(alogy P) for a < r—1, the ‘T'SF + Adp
CB’ hybrid precoding scheme achieves at least a sum DoF of K - -25.
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Proof. As the analog beamformer is determined by (4.7), the effective channel can be
equivalently treated as spatially correlated channel hy g = R,lc/ 923 gr. Then, the ‘TSF
+ Adp CB’ hybrid precoding scheme boils down to the conventional digital precoding
scheme. According to [91, Lemma 1], [41], the expected quantisation error of the effective
channel can be upper bounded by 2~ 5858/("=1) \where r is the rank of the K x K covariance
matrix of the effective channel Ry ¢ and » < K. By straightforwardly following the
proof of [36, Theorem 4], we can lower bound the DoF of each user by -2 for Bpp =
O(alog, P). O

Intuitively, in the asymptotical SNR regime P — oo, the signal power grows linearly
with P while the interference power scales with the product of P and the quantisation
error. Since the quantisation error is of the order 2_1}33%)1B = P_%7 the interference power
scales as PU77°1) which gives a SINR that scales as P, Thus, the resulting DoF of
each user is ~%5. In order to obtain a sum DoF of m(m < K), the number of second-stage
feedback bits should scale with SNR

r-l @). (4.25)

BBB:O(’" K 3

4.2.3. One-stage vs. Two-stage Feedback Scheme

An analytical comparison between one-stage and two-stage feedback schemes is intractable
due to intractability of a closed-form sum rate expression for the ‘T'SF + Adp CB’ scheme.
Nevertheless, we can get some insights based on the analysis and discussion in Sections
4.2.1 and 4.2.2. Specifically, we consider the following scenarios: 1. AoDs of each user
are well separated; 2. very sparse channel (i.e., L — 1); 3. dominant path (i.e., |g1] >
lgi], VI > 2); 4. very limited feedback overhead B.

From Proposition 4.1 and Remark 4.1, the multiuser interference can be effectively
mitigated by the long-term channel statistics-based digital precoder in scenarios 1-3. The
per-user rate of the ‘OSF + Stat’ scheme approaches the per-user interference-free rate.
Thus, the ‘OSF + Stat’ scheme with Brr = B achieves higher rate than the ‘TSF + Adp
CB’ scheme with Bgrr = B — Bpp. In scenario 4, the splitting operation in ‘TSF + Adp
CB’ scheme results in very small Bgp and Bpp. From (4.7), small Brp leads to coarse
RF beamsteering, i.e., mismatch between the RF beamforming and the channel direction.
Additionally, small Bpp incurs an inaccurate feedback of the effective channel knowledge
because the quantisation error is of the order 2_?%113. Thus, the ‘TSF 4+ Adp CB’ scheme
with very limited B yields an unfavourable rate performance. In a nutshell, the ‘OSF +
Stat’ scheme outperforms the ‘T'SF + Adp CB’ counterpart in scenarios 1-4 in term of
rate performance. Meanwhile, the ‘OSF + Stat’ scheme highly reduces the complexity of
the signalling and feedback procedure by eliminating the second-stage feedback.

On the contrary, the ‘TSF + Adp CB’ hybrid precoding scheme exceeds the ‘OSF +
Stat’ scheme in the regime of large B, where the ‘TSF + Adp CB’ scheme with par-
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Figure 4.2.: Illustration of signalling and feedback procedure for various schemes.

tial resources Brp is sufficient to provide precise first-stage beamforming. The residual
resources Bpp gives an accurate channel quantisation (i.e., 2_12‘%)13 — 0), resulting in
efficient interference elimination. By contrast, the ‘OSF + Stat’ scheme using all feed-
back overhead B for the first-stage RF beamsteering can only achieve a marginal RF
beamforming gain over the ‘TSF 4+ Adp CB’ scheme using Brp. Meanwhile, the ‘OSF +
Stat’ scheme based on statistical CSIT-based digital precoder is less capable of mitigating
interference.

In Section 4.4, a simulated comparison is provided to show the efficacy of the ‘OSF
+ Stat’ scheme over ‘T'SF + Adp CB’ in various aforementioned scenarios. In order to
fairly compare them, the optimal feedback allocation between the two stages is numerically
computed for the ‘TSF 4+ Adp CB’ scheme?.

Moreover, we note that the beam search in the ‘OSF + Stat’ scheme with Brr = B
takes longer than the ‘T'SF 4+ Adp CB’ scheme with Brr = B — Bpp. Nevertheless,
there is not a big gap between them when the total feedback is limited and the feedback
allocation of the ‘T'SF + Adp CB’ scheme is optimized, as confirmed by the simulations

in Section 4.4.

4.2.4. Signalling and Feedback Protocol

To operate the proposed hybrid precoding schemes, the signalling and feedback procedure
is illustrated in Fig. 4.2 and described as follows.

Consider the classical microwave systems with M transmit antennas and N = M RF
chains at the BS. Using LTE-A framework [79], CSI-RS are transmitted to enable the users
to measure the instantaneous CSI, which is then fed back to the BS. With this channel
knowledge, the BS computes the precoders. Then, the BS constructs the transmitted
signals that are transmitted along DM-RS [43] to enable the users to detect the desired
signal.

In the mmWave systems with one-stage feedback scheme, we first search the beam that

3In general, the analytical computation of the optimum feedback allocation between two stages given
certain total feedback overhead is not trivial and is beyond the scope of the present work.
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maximises the desired signal of each user to overcome the severe pathloss of mmWave
link. Based on the analog beamformer and the channel covariance matrix, the BS designs
the digital precoder and transmits the DM-RS.

In the mmWave systems with two-stage feedback scheme, beam search is first operated
and the beam that maximises the desired signal of each user is fed back to the BS. Then,
the BS transmits the beamformed CSI-RS to the users. Each user estimates and reports
the effective CSI to the BS. Based on the analog beamformer and the quantised CSIT,
the BS determines the digital precoder and then transmits the DM-RS.

4.3. Rate Splitting with Hybrid Precoding

In previous section, the achievable rate of the conventional transmission strategy is highly
degraded by multiuser interference due to either AoDs overlap in ‘OSF 4+ Stat’ scheme
or limited feedback in ‘TSF + Adp CB’ scheme. In the context of multiuser mmWave
systems, we introduce a rate splitting (RS) transmission strategy to tackle the residual
interference. RS enhances the rate performance and can be applied with both aforemen-
tioned hybrid precoding schemes.

With Bgrp for the analog beamforming, we consider the conventional (i.e., No-RS)
transmission strategy with the ‘OSF + Stat’ hybrid precoding as a baseline. On one side,
RS with the ‘OSF + Stat’ hybrid precoding achieves rate gain over the baseline owing to
the benefits of RS. On the other side, by using the same Brp for the analog beamforming
and extra feedback Bgp for the second-stage channel quantisation, the conventional No-
RS with the ‘TSF + Adp CB’ hybrid precoding also enables rate gain over the baseline.
In this section, we mainly investigate how much second-stage feedback can be saved by
implementing RS.

The RS transmission strategy superposes a common message on top of all users’ private
messages. Thus, the conventional No-RS strategy is a sub-scheme of RS. Compared with

(4.4), the transmitted signal of RS can be written as

K
X = \/FCFWCSC—%Z\/EFWksk, (4.26)
k=1

where w, is the precoding vector of the common message s.. In (4.5), the private message
transmissions are interference-limited at high SNR. The basic idea of RS is to transmit
the private messages with a fraction of the total power such that the private messages are
decoded in the non-interference-limited SNR regime. In addition, a common message is
transmitted using the remaining power which gives rise to a rate enhancement [92].

In line with the conventional No-RS strategy, the RF beamformer F and the digital
precoder wy, are designed as in Section 4.2.1 while uniform power allocation is performed

on the private messages. We mainly focus on the power splitting between the common and
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private messages and the precoder design of the common message. A fraction ¢ € (0, 1] of
the total power is uniformly allocated to the private messages while the remaining power
is given to the common message, i.e., P, = Pt/K and P, = P(1 —t). At the user side,
each user decodes first the common message by treating all private messages as noise.
After removing the decoded common message by SIC, each user decodes its own private
message. Thus, the SINRs of the common message and the private message experienced
by user k are written as

SINRS = P;(‘hEFW;’Q , (4.27)

143 521 Py [y Fw;l?
Pk ‘thFWk‘Q

SINR? = . (4.28)
g 1+3 b b Fw;[?

The achievable rate of the common message is given as
R¢ = mkin {R;} = mlgn {log,y(1 + SINRF) }, (4.29)

which guarantees that the common message can be successfully decoded by all users. The
sum rate of the private messages is given as RP = Zszl R} = Zle logy(1 + SINRY).
Then, the sum rate of RS is R%S = R®+ RP. In order to properly design ¢ and w,, we

sum

need to derive the sum rate of RS.

Proposition 4.3. The average sum rate of RS with the ‘OSF + Stat’ hybrid precoding

18 lower bounded as

e 7-P(1-1) wka’eﬁrwc> }

RS .
J= J ’

K —~ . Pt H
e V. Ew Rk effWk
+ log, <1 + K"k~ . (4.30)
; 14+ 25 WwHR opw;
Proof. See Appendix C.2. O

According to (4.30), the precoder (w.) and the power splitting ratio (¢) can be designed.

4.3.1. Precoder design

With Ry eg known at the BS and w; designed as (4.11), w. can be optimised by solving

the following max-min problem subject to a power constraint

1
P1l: max min —wka W (4.31)
we ko [ ’
st. wHMw, =1, (4.32)
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: Initialisation: set ¢ = 0 and generate an initial point zg
: Repeat

solve (4.36) with z = z; and denote x* as the solution
update z;y; = x*

set i =1+1

: Until convergence

Table 4.2.: SCA algorithm

where M = FHF and 8, = 1 + % ngl WJI.{Rk7eHWj. By replacing w. with x and

introducing a slack variable, P1 is equivalently reformulated as

P2 max t (4.33)
s.t. XHRk’eﬁ‘X > Bt (4.34)
xIMx =1,

which is known as NP-hard and can be solved by semi-definite relaxation (SDR) followed
by Gaussian randomisation [3]. Rather, we cope with P2 by successive convex approx-
imation (SCA) approach [24] for its lower complexity. In addition, SCA converges to a
KKT stationary point for the original problem P1 [93]. For any z and PSD Ry, ¢, we
have (x — z) Ry, ot (x — z) > 0 and therefore

XHRk’effX > 2Re{zHRk7eg X} — ZHRkyeff Z. (4.35)

Substituting the convex constraint of (4.35) into (4.34) leads to the following convex

problem
P3: max t
x,t
st. 2Re{z"Rycax} — 27 Ry cnz > Bit (4.36)
xHMx = 1,

where the optimal solution x* can be efficiently obtained for given z. Then, z is iteratively
updated by z = x* and used in the next iteration, yielding a sequence of feasible solutions
with non-increasing objective values. The SCA algorithm is summarised in Algorithm
4.2.

4.3.2. Power allocation design

The optimal power splitting ratio ¢ can be determined by maximising the lower bound
on average sum rate (4.30) with line search. By contrast, we compute a suboptimal
but effective and insightful power allocation. Recall that the common message in RS

is dedicated to overcome multiuser interference and its achievable rate is subject to a
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1: BS: sets F from (4.7) and Ry, o = FIR,F
computes wy, from (4.11) and ¢ from (4.37)
2: Ift <1
3:  BS: determines w,. as the solution of P1 and constructs the TX signal as (4.26)
4:  Users: decode the common message — SIC — their own private messages
5: Else
6:  BS: constructs the TX signal as (4.4)
7:  Users: decode directly their own private messages

Table 4.3.: Overall RS transmission with hybrid precoding

minimum constraint (4.29). In the low/non-interference-limited SNR regime, private
messages transmission works well and therefore the total power is allocated to the private
messages, i.e., t = 1. In this case, RS turns into conventional No-RS.

At high SNR, exploiting full power to transmit the private messages only offers marginal
sum rate gain by virtue of multiuser interference. Thus, only a fraction of the total power
is assigned to the private messages such that the private message decoding can be placed
back to the non-interference-limited SNR regime. The basic idea of power allocation for
RS is to compute the saturation point of the achievable rate of private message, where
the multiuser interference becomes the dominant factor for the performance. Any power
beyond is reserved for the common message. Specifically, in (4.30), the interference term
of the private message T £ % > itk Wf R}, .gw; and the noise power is 1. The saturation
point lies in the regime T > 1 and can be computed by letting T = K for simplicity?.
Overall, the power splitting ratio between the common and the private messages for

arbitrary SNR is therefore designed as

t = min {% 1}, (4.37)

where I' = mkin{% Zj 2k Wf Rk’eﬁ‘W]’}. The minimum is imposed to guarantee that

% Z#k Wf Ry cgw; > 1 for Vk. The overall RS transmission strategy is presented in
Algorithm 4.3.

Remark 4.2. In general scenarios such as partially overlapped AoDs between users, the
sum rate of the baseline (i.e., conventional No-RS strategy with the ‘OSF + Stat’ hybrid
precoding scheme) is interference-limited at high SNR. By contrast, in the ‘OSF + Stat’
precoded RS strategy, the power allocation (4.37) guarantees that the private message
transmission of RS achieves almost the same sum rate as the baseline. Meanwhile, the
common message transmission of RS with the remaining power leads to rate enhancement
which can be quantified as R. (4.29). Therefore, the sum DoF gain of the ‘OSF + Stat’

precoded RS over the baseline approaches 1.

4 Apparently, the value of Y satisfying T > 1 is not unique. Nevertheless, the effectiveness of choosing
T = K has been demonstrated by [92].
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Moreover, the ‘TSF + Adp CB’ precoded conventional No-RS strategy also enables better
performance than the baseline by virtue of extra second-stage feedback. Based on (4.25),
‘TSF + Adp CB’ requires extra feedback scaling as Bpp = O(%P%,’B) to achieve a sum
DoF of 1. As the rank r of the effective channel covariance matriz Ry, op = FIR,F €
CEXK s constrained to the channel sparsity L, we have r = min(L, K). Consequently,
the ‘OSF + Stat’ precoded RS can achieve the same sum DoF as the ‘TSF + Adp CB’
precoded conventional No-RS that is driven by extra second-stage feedback®. It implies
that RS enables significant saving both in the downlink training and in the CSIT uplink

feedback.

4.4. Performance Evaluation

Numerical results are provided to validate the effectiveness of the proposed hybrid pre-
coding schemes and RS strategy. We consider a system model with ULA equipped at the
BS and a channel model with AoDs uniformly distributed in [0, 7]. The codebook Ciq is

designed using Grassmannian line packing.

4.4.1. Multiuser Hybrid Precoding

This section simulates the conventional No-RS transmission strategy in a setup with
M =64, K = 4,B = 6. In Fig. 4.3 and Fig. 4.4, we evaluate the performance of the
proposed one-stage feedback plus channel statistics-based (‘OSF + Stat’) and two-stage
feedback plus adaptive codebook-based (‘TSF + Adp CB’) hybrid precoding schemes.
The ‘OSF + Stat’ scheme uses all the feedback bits for the analog beamforming, i.e.,
Brr = B,Bgp = 0. By contrast, in ‘TSF + Adp CB’ scheme, the total feedback
overhead B is divided into the analog beamsteering (Brp) and the second-stage channel
quantisation (Bppg). The optimal feedback division ratio is numerically computed and
the corresponding sum rate of “TSF + Adp CB’ is plotted. The effectiveness of the ‘OSF
+ Stat’ scheme is verified by comparing with the ‘optimised’ ‘TSF + Adp CB’ scheme.
Both SLNR-based and ZF digital precoder designs are considered. The baseline (‘TSF
+ RVQ + ZF’ [17]) is plotted where RVQ codebook is used to quantise the effective channel
and the BS designs the digital precoder as ZF based on the quantised channels. Fig. 4.3
and Fig. 4.4 show that the proposed hybrid precoding schemes largely outperform the
baseline due to the exploitation of the channel statistics. It implies that adaptive codebook
captures the characteristics of the mmWave channel better than RVQ. Moreover, SLNR-
based digital precoder design that maximises a lower bound on the averaged SLNR enables
higher rate than ZF, since it takes into account both the desired signal and the interference.
The optimal splitting of the total feedback overhead B = 6 in ‘TSF + Adp CB’ scheme
is numerically obtained as Brr = 5,Bpp = 1. In Fig. 4.3, it can be seen that the

5Tt is worth noting that simply doing TDMA achieves DoF of 1. However, the rate gain of RS over
TDMA has been demonstrated in [37,92,94].
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Figure 4.3.: Comparison among various hybrid precoding schemes, in a setup with B =
6,L =2.
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Figure 4.4.: Comparison among various hybrid precoding schemes, in a setup with B =
6,L = 15.
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Figure 4.5.: Comparison among various hybrid precoding schemes, in a setup with B =
10, L = 2.

proposed ‘OSF + Stat + SLNR’ scheme achieves much higher sum rate than the “T'SF +
Adp CB’ scheme. The ‘OSF + Stat’ scheme utilises all feedback resources to design precise
RF beamforming. Meanwhile, the channel covariance matrix is low rank due to channel
sparsity (L = 2) and leaves nullspace to efficiently mitigate multiuser interference. In Fig.
4.4 where L = 15, the rate performance of the ‘OSF + Stat’ scheme still exceeds the ‘T'SF
+ Adp CB’ scheme. In ‘T'SF + Adp CB’ scheme, the optimal splitting of total feedback
B = 6 is numerically obtained as Brr = 4, Bgp = 2. When a limited amount of feedback
bits B = 6 is attainable, the splitting operation in ‘TSF + Adp CB’ scheme leads to coarse
analog beamsteering and inaccurate channel quantisation. Therefore, these observations
in Fig. 4.3 and Fig. 4.4 verify the comments drawn in Section 4.2.3. Namely, the proposed
‘OSF + Stat’ scheme exhibits substantial sum rate gain over various baselines for very
limited feedback system/very sparse channels.

In Fig. 4.5 and Fig. 4.6, we consider the same setup as Fig. 4.3 but a larger feedback
overhead B = 10. The sum of interference-free per-user rate Rqum = Zle R;, where
Rj is given as (4.16), is plotted as an upper bound on the sum rate. In ‘T'SF + Adp
CB’ scheme, the optimal splitting of total feedback B = 10 is numerically obtained as
Brr =8,Bgp = 2 in Fig. 4.5 and Brr = 7, Bgp = 3 in Fig. 4.6. Fig. 4.5 shows that
the proposed ‘OSF + Stat + SLNR’ scheme obtains a rate performance similar to that
of the ‘optimised’ ‘T'SF + Adp CB’ scheme. However, the ‘OSF + Stat + SLNR’ scheme
does not require the downlink training and uplink feedback of the effective channel and
therefore is still preferable to the ‘T'SEF + Adp CB’ scheme. It can be concluded that

multiuser interference is effectively mitigated in ‘OSF + Stat’ scheme (due to low rank

95



35

—e— OSF + Stat + SLNR
—%¢—TSF + Adp CB + SLNR
30t —@=—OSF + Stat + ZF 1
—%—TSF + Adp CB + ZF
- = =TSF 4+ RVQ + ZF
25H Interference-free rate |

N
o
T
L

-
a
T
1

Sum Rate [bps/Hz]

-
o

0
-10 -5 0 5 10 15 20

Figure 4.6.: Comparison among various hybrid precoding schemes, in a setup with B =
10, L = 15.

channel covariance matrix) and in ‘TSF + Adp CB’ scheme (owing to a relatively large
number of feedback).

In Fig. 4.6, the ‘OSF + Stat + SLNR’ scheme exceeds various baselines even in not-
very-sparse (L > 1) channels, which confirms the effectiveness of the proposed design.
However, compared with Fig. 4.5 where the channels are sparse (L = 2), the sum rates
of the hybrid precoding schemes with L = 15 are highly degraded since one RF chain per
user (i.e., N = K) captures only one path gain while missing the rest. The sum rates
are dominated by multiuser interference at high SNR since the covariance matrices of the
effective channels with L > 1 tend to be full rank.

In Fig. 4.7, we evaluate the effect of the number of transmit antennas on the rate
performance of the proposed hybrid precoding schemes at SNR = —5 dB. The SLNR-
based digital precoding is considered. Each user channel has I = 4 paths and the total
feedback overhead is B = 8. A fixed feedback allocation is used for the ‘TSF + Adp
CB’ scheme, i.e., Brr = 5,Bgp = 3. Fig. 4.7 shows that the rate gap between the
‘OSF + Stat’ and ‘T'SF 4+ Adp CB’ schemes enlarges as a larger number of antennas is
employed at the BS. It indicates that the proposed ‘OSF + Stat’ scheme works well in
the large-scale array regime. According to Section 4.2.3, the ‘OSF + Stat’ scheme forms
a precise RF beamsteering with the help of all feedback resources. Meanwhile, as M
becomes larger but L = 4 is fixed, the channel covariance matrices of users have higher
dimensional nullspace to efficiently eliminate the multiuser interference. On the contrary,
the rate gain of the “T'SF + Adp CB’ scheme from increasing M is small due to coarse

(low resolution) analog beamforming.
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Figure 4.9.: Comparison between No-RS with extra feedback and RS, in a setup with
M =32,K =4,L =8, Bgr = 4 and ZF digital precoder.

In Fig. 4.8, we set M = 32, L = 4, SNR = 5 dB and evaluate the performance of
the proposed schemes for varying B. Fig. 4.8 shows that when the amount of feedback
overhead is small, it is preferable to allocate all resources to the analog beamforming
(i.e., ‘OSF + Stat’). As B increases, the feedback resources should be divided such
that RF codebook with Brp has sufficient resolution to distinguish different channel
paths. Moreover, the remaining resources can accurately quantise the effective channel.
The digital precoder based on the accurate channel quantisation effectively mitigates the
multiuser interference. In the large regime of feedback overhead B, Fig. 4.8 shows that
the ‘T'SF + Adp CB’ scheme is preferable over the ‘OSF + Stat’ scheme, which validates

the last observation in Section 4.2.3.

4.4.2. Rate Splitting with Hybrid Precoding

In Fig. 4.9 and Fig. 4.10, we compare the ‘OSF + Stat’ precoded RS with the ‘TSF +
Adp CB’ precoded No-RS. Both strategies use the same Brp for the analog beamforming
while ‘T'SF + Adp CB’ is driven by additional feedback Bpp in the second-stage channel
quantisation. We also plot the ‘OSF + Stat’/‘T'SF + RVQ’ precoded No-RS as references.
ZF and SLNR-based digital precoders are respectively considered in Fig. 4.9 and Fig. 4.10
for the proposed strategies. The number of feedback bits in the first-stage beam steering
is set as Brr = 4 while Bpp is annotated in Fig. 4.9 and Fig. 4.10. Following Remark
2, the amount of extra feedback bits should scale as Bgp = O( %%) to achieve sum
DoF of 1.
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Figure 4.10.: Comparison between No-RS with extra feedback and RS, in a setup with
M =32, K =4,L =8, Bgr = 4 and SLNR-based digital precoder.

Fig. 4.9 and Fig. 4.10 show that the ‘OSF 4+ Stat’ precoded No-RS is interference-
limited beyond SNR = 15 dB, since statistical CSIT-based digital precoding is unable
to eliminate multiuser interference. Meanwhile, the ‘TSF + Adp CB’ or ‘TSF + RVQ’
precoded No-RS strategies make use of extra SNR-adaptive second-stage feedback so as
to achieve a rate performance that linearly increases with the transmit power. Moreover,
we note that ‘OSF + Stat’ precoded RS and ‘TSF + Adp CB’/‘TSF + RVQ’ precoded
No-RS achieve almost the same sum DoF (reflected by the slope of the sum rate at high
SNR). Even though ‘T'SF + Adp CB’ precoded No-RS has a rate gain over ‘OSF +
Stat’ precoded RS, the latter enables saving both in the second-stage channel training
and feedback. Finally, it can be seen that the sum rate of ‘OSF + Stat’ precoded RS
outperforms ‘TSF + RVQ’ precoded No-RS [17] due to the exploitation of the second-

order statistics and the common message transmission.

4.5. Summary and Conclusion

In this chapter, we proposed an ‘OSF + Stat’ hybrid precoding scheme based on one-stage
feedback. Specifically, the ‘OSF + Stat’ scheme uses all feedback resources to precise-
ly design the analog beamformer while mitigating multiuser interference by statistical
CSIT-based digital precoder. As a comparison, the ‘TSF + Adp CB’ scheme based on
two-stage feedback partitions the total overhead into RF feedback and effective channel
quantisation. The digital precoder copes with the multiuser interference based on quan-
tised CSIT. Under a fixed total feedback constraint, we showed that the ‘OSF + Stat’
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scheme outperforms the ‘TSF + Adp CB’ scheme for very limited feedback and/or very
sparse channels. Meanwhile, the ‘OSF + Stat’ scheme gets rid of the second-stage channel
training and feedback and therefore effectively reduces the complexity of signalling and
feedback overhead.

Nevertheless, we note that the conventional transmission strategy precoded by either
‘OSF + Stat’ or ‘TSF + Adp CB’ is interference-limited at high SNR. Then, we proposed
a rate splitting transmission strategy which tackles the residual interference. The idea of
RS can be applied with both one-stage/two-stage hybrid precoding schemes to enhance
the rate performance. In consideration of the benefits of RS, we particularly showed
that given the same amount of feedback for the analog beamforming, the ‘OSF + Stat’
precoded RS can achieve a rate performance comparable to that of the ‘T'SF + Adp CB’
precoded No-RS with extra second-stage feedback for channel quantisation. By employing
a more sophisticated transceiver architecture (i.e., superposition coding at the transmitter
and SIC at the receiver), the RS transmission strategy enables significant saving in the

second-stage channel training and feedback.

100



5. A Novel Hybrid Precoding Strategy
for Physical Layer Multicasting with
Perfect CSIT

In previous section, we have investigated the hybrid precoding strategy for multiuser
MISO broadcast channel. In this chapter, we turn to study the hybrid precoding strat-
egy for physical layer multicasting that is also of great interest in 5G cellular networks.
Accordingly, we focus on maximising the minimum (max-min) received rate among all
users. We propose a low complexity algorithm to compute the RF precoder that achieves
near-optimal max-min fairness performance. Moreover, we derive a simple condition un-
der which the hybrid precoding driven by a limited number of RF chains incurs no loss
of optimality with respect to the fully digital precoding case.

So far, there has been no investigation on physical layer multicasting with hybrid pre-
coding. To the best of our knowledge, this is the first working dealing with the above
problem. For this reason, this work considers perfect CSIT as an initial step, rather than
dealing with various imperfect CSIT types in preceding sections. We would leave the

imperfect CSIT case to a future work.

5.1. Problem Formulation

Consider the downlink of a multiuser cellular system where a BS equipped with M an-
tennas and N (N < M) RF chains serves K single-antenna users. Let h, € C denote
the frequency-flat quasi-static downlink channel vector of user k and assume that the BS
has perfect knowledge of the channel vector for each user. The input-output analytical
expression is written as y, = hg X + ng, where x = ws represents the transmitted signal
with power constraint E[||x||?] < P. w € CM is the linear precoder while s is the common
message intended to all users with zero-mean and unit variance. ny ~ CA(0,0%) denotes

the additive white Gaussian noise.
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5.1.1. A Sufficient Number of RF Chains

In the case of N = M, w can be fully designed in the digital domain. Let us revisit the
traditional max-min SNR fairness problem [3] which can be written as
max min |hfw[? st ||w|®=P, (5.1)
w ke
where h;, = h;, /oy and K denotes the multicast user set. This NP-hard problem can be
approximated in a relaxed or conservative manner. Namely, we can relax problem (5.1) to

H and ignoring the rank one constraint.

a convex SDP problem by introducing W = ww
If Wt has rank of one, its principal eigenvector is the optimal solution to problem (5.1).
Otherwise, a randomisation procedure [3] is applied to obtain a feasible solution to the
original problem. For example, we perform eigen-decomposition on W = UX U and
generate a set of candidate vectors as w = UXY2v with v ~ CN(0,I) and normalise
them as ||w||?> = P. The best candidate which obtains the largest max-min SNR is chosen
as the final solution of problem (5.1).

By contrast, we can exploit the fact that the max-min fairness problem subject to
a transmit power constraint is equivalent to the transmit power minimisation problem
subject to Quality-of-service (QoS) constraints up to scaling [3]. Then, replacing the non-
convex (QoS) constraint by a conservative convex approximation yields a feasible solution
to the original problem [60]. Furthermore, [62] designed the precoder as a linear sum of
channels of all users which achieves near-optimal max-min fairness. The corresponding
details can be found in [60-62].

5.1.2. A Limited Number of RF chains

In the case of N < M, w can be jointly designed in the analog and digital domain,

CM*N and wpg € CV. Since Fgry is implemented using

i.e., w = Frpwpp where Frp €
phase shifting networks, a constant modulus constraint is imposed on its entries. Without
loss of generality, we assume that [Frpl; j = \/Lﬁej‘“’j . Since P is immaterial with respect
to the optimisation problem, we can normalise it and then scale up the solution with v/P.

Proceeding with the design of Frpwpp, problem (5.1) can be stated as

: . H 2
max min |h; Frrpwpp
Frr,wpp kel ‘ k ‘

S.t. HFRFWBBH2 =1, Fgrr€eF, (52)

where F is the feasible set of Frp with constant magnitude entries. The NP-hard problem
becomes more challenging in the presence of the non-convex feasibility constraint Frp €

F.
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5.2. Proposed Solutions

Consider a predefined RF codebook and an optimised wgp for a given RF precoder, a
low complexity search algorithm is proposed to determine the RF precoder that achieves
nearly the same performance as performing an exhaustive search. When it comes to
limited scattering channels, the RF precoder can be designed exploiting channel sparsity.
We derive a simple condition under which the hybrid precoder driven by a limited number

of RF chains achieves the same max-min fairness as with fully digital precoder.

5.2.1. A Low Complexity Algorithm

To resolve the non-convex constraint, the RF precoder can be selected from a predefined
codebook C. We denote Cgt as the set of all M x N matrices whose columns are drawn
from N different columns of C. Since the RF precoder belongs to a finite discrete set,
the associated combinatorial optimisation of Frr can be solved by a high-complexity
exhaustive search with oy = (Nfi;\w iterations. For each Frr and the associated effective
channel ﬁk. = FﬁIFflk, we determine the optimal wgp by using methods presented in
section 5.1.1. Then, the Frr and wgg that achieve the best max-min SNR performance
is adopted as the final solution. To circumvent the issue of complexity, we develop a low
complexity search algorithm by leveraging the following observation on the RF precoder
design.
Observation: Problem (5.2) can be equivalently formulated as
|hfFrrwpg|?

max min
Frp,wps ke ||FRFWBB H2

s.t. FRF € Cseta (53)

where we unify the power constraint into the objective function. For certain Frp, the

optimum value (denoted by t) of the objective function in problem (5.3) is upper bounded,

i.e.,
A FH h,hF
t = min {WBB Ak RFWBB} (5.4)
kel WBBFRFFRFWBB
< min {Amax((FgFFRF)—ngFBkBkH FRF>} (5.5)
€
= gg}é {b)Frp(F{pFrr) 'Flphy}, (5.6)

where (5.5) is obtained from the generalised eigenvalue of FE hyh Frp and FE Fgp.
We assume C with full column rank and then FRHFFRF is invertible.

A selection of Frp € Ceet, that leads to a small upper bound, constrains the optimum
t to a small value and hence is unlikely to be the optimal RF precoder. In this light, we

propose to search Frp in descending order of (5.6) and only select a limited number of
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: Pre-processing: Select a subset of Frp € Cset with the largest I values in (5.6)
: For i € [1,1]
Compute the effective channel ﬁl(;), Vk with Fg;

(@)

Apply algorithm stated in section 5.1.1 to find the optimal ¢ and Wph
: End
: The Frr and wpp that obtains the largest ¢ are chosen as the solution of (5.3)

Table 5.1.: Precoding design algorithm

FRrr that obtains the largest upper bound values. The low complexity search algorithm
is outlined in Algorithm 1.

Remark 5.1. The complexity of Algorithm 1 is approximated by I-Cy, where Cy indicates
the complezity of algorithm applied in step 4. We note that I € [1, Leys|. The optimal Frp
can be obtained by exhaustive search (I = Iozs) while the proposed RF precoder design can
achieve nearly the same maz-min fairness with I < I..5. The corresponding complexity

reduction factor can be approzimated by I.qus/1.

Remark 5.2. The RF codebook design acts as one of the determinant factors for the
max-min performance. Though the optimal RF codebook is still unknown, good candi-
dates can be recognised by exploiting second-order channel statistics or array structure.
For example, we can normalise each entry of the dominant eigenvectors of channel co-
variance matrices and collect them as the RFE codebook. Otherwise, we can design C as the
steering vectors with uniformly distributed AoDs. Moreover, when we take implementation
complexity into account, a DFT-based codebook can be employed where any RF precoder

can be implemented by a static (DFT) phase shifting network together with a RF switch.

5.2.2. Achieving Optimum with a Reduced Number of RF Chains

The proposed algorithm in section 5.2.1 is applicable to arbitrary channels. By imposing
a predefined codebook on the RF precoder design, the hybrid precoding can only provide
a suboptimal performance compared with the fully digital precoding case. In this section,
we consider a physical finite scattering channel model that has been investigated for

Massive/Mm-wave MIMO systems [8,9]. The channel vector from user & is defined as

Ly
M M
he =/ > gia(@,0;) =/ —A :
k Ln — g5, a(y, 0 Ly k8k> (5.7)

where Ay, = [a(¢},01), - ,a(¢£’“,9,§’“)] € CM*Lr contains Ly, steering vectors and gy is
the path gain vector. The factor \/M /Ly, is used to normalise the channel, i.e., E(||hg||?) =

M. Under the plane wave and balanced narrowband array assumptions, the array steering
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vector can be written as [5, Ch. 2]
1 ‘ ,
a(gh,0b) = = [e7 I 11000 ... eI m (@001 T (5.8)

where f,,(¢,0) is a function of the AoD azimuth (¢) and elevation (#). Consider first the
single-path channels (i.e., Ly = 1) and denote a collection of the steering vector of each
user by a M x K matrix V (e.g., V = [a(¢1,01), - ,a(dK,0k)]). The following theorem
characterises the max-min performance of multicasting driven by a limited number of RF

chain.

Theorem 5.1. When the BS has a prior knowledge of AoDs' and all channels are single-
path, the hybrid precoding with ¥ pp =V driven by only K RF chains achieves the same
max-min fairness as with fully digital precoding driven by a sufficient number of RF chains
(i.e., N =DM).

Proof. We denote the (tall) channel matrix by H = [hy,--- ,hg]. Focusing on the fully
digital precoder design in problem (5.1), we note that Vw € Null(H) makes the value of
the objective function zero. Hence, the optimal solution w* € span(H) is written as a

linear combination of hy, i.e.,

K K
w* = bghy =Y cpa(er, 0k) = Frewss, (5.9)
k=1 k=1
where b;, denote the coefficients and wgg = [c1, -+, cx]? with ¢ = v/ Mbggy. Since the

steering vector collection matrix V satisfies inherently the constant modulus constraint,
(5.9) implies that the optimal fully digital precoder can be equivalently implemented by

a hybrid precoding structure without loss of performance. O

By reusing (5.9), we are able to generalise Theorem 5.1 into multi-path channels (i.e.,

Li > 1) and thereby present the following Corollary without proof.

Corollary 5.1. When the BS has a prior knowledge of AoDs and at least N RF chains
with N =%, L, < M, and let V € CMXN " collect the steering vectors of all users, the
hybrid precoder with Frp = V achieves the same maz-min fairness as with fully digital

precoder.

5.3. Performance Evaluation

In this section, we numerically compare the proposed low complexity algorithm with

several baselines: Baseline 1 assumes a sufficient number of RF chains and exploits fully

!Subspace methods (e.g., root-MUSIC and ESPRIT) and compressed sensing algorithms (e.g., OMP and
BP) can be applied to identify the distinct path arrivals [95].
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digital precoding (i.e., M = N, denoted by ‘Digital N = M’). Baseline 2 assumes a
random antenna subset selection and performs digital precoding over that subset (i.e.,
M’ = N = K, denoted by ‘Digital N = K’). Intuitively, baselines 1&2 place an upper
and lower bound on the performance of hybrid precoder, respectively. Baseline 3 assumes
a limited number of RF chains and exploits hybrid precoding with exhaustive search
for RF precoder (i.e., M > N = K, denoted by ‘Hybrid N = K, EXS’). DFT-based RF
codebook is taken as an example. Since the interest of this letter is the RF precoder design,
we compute all the digital precoders by simply using SDR. A Gaussian randomisation
procedure is carried out to obtain a feasible solution. Moreover, the max-min rate is
investigated by averaging over 1000 random channel realisations.

In Fig. 5.1 and 5.2, we evaluate the max-min rate performance under i.i.d. Rayleigh
fading channels. Consider a system with M = 6, K = 2, Fig. 5.1 shows that the hybrid
precoding structure achieves a max-min rate gain over baseline 2 (e.g., 1 bps/Hz beyond 5
dB SNR). It implies that a cost-efficient and well-designed phase shifter network can reap
benefits. Compared with baseline 3 (Iexs = ﬁ = 30), the proposed algorithm with
I =1 highly reduces the search complexity while keeping the same performance. In Fig.
5.2, we consider M = 8, K = 3, SNR = 10 dB and plot the cumulative density function
(CDF) of the max-min rate of each approach. Likewise, the proposed low complexity
algorithm with I = 4 achieves similar performance as with the exhaustive search (loxs =
336). Moreover, we observe that the hybrid precoding with RF precoder selected from a
predefined codebook is outperformed by the fully digital precoding. This performance loss
is mainly due to the mismatch between the constant magnitude constrained RF precoder
and the non-constant magnitude (non-sparse) i.i.d. Rayleigh channels.

Fig. 5.3 examines the max-min rate in single-path channels. Consider a uniform linear
array with M = 10 isotropic antennas serving K = 3 users. The steering vector is given by
a(¢}) = 77l e=i2m R cos(@)) ... o=i2n SRR cos(OIT wwhere D = A/2 is the half-wavelength
antenna spacing and (f)é€ is uniformly distributed between 0 and 27. Fig. 5.3 shows that
the AoD-aware RF precoder design (Theorem 5.1) outperforms the low complexity DFT-
based approach (Algorithm 1 with I = 1). The former dynamic design requires a prior
knowledge of AoDs while the latter less-flexible design facilitates ease of implementation.
In addition, Theorem 5.1 is validated, namely, the hybrid precoder with a limited number
of RF chains can achieve the same max-min rate as with fully digital precoder. It implies
that channel sparsity can be exploited to reduce the number of costly RF chains without
a compromise on the performance. The intuition behind Theorem 5.1 and Corollary 5.1
is explained as follows. Under a limited scattering model, the M x 1 channel vector is
characterised by a few AoDs (¢!). The max-min fairness enabled by a high-dimensional
(M) digital precoder can be obtained by a M x N transformation matrix (i.e., the RF
precoder) that accurately captures the channel gain and a low-dimensional (N > K)
digital precoder that takes care of the fairness amongst K users.

Moreover, when the channels have multi-path of >, Ly > M, Theorem 5.1 and Corol-
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Figure 5.3.: Max-min rate comparison between the proposed hybrid precoding design and
various baselines, in a setup with M = 10, K = 3.

lary 5.1 are not achievable. In this case, suppose the BS has the knowledge of AoDs, the
low complexity algorithm in section 5.2.1 can be applied to select the RF precoder from
the codebook that collects the steering vectors of all users. The basic idea is to exclude
those selections that constrain the upper bound in (5.6) and to search among the rest.
This codebook design would perform better than various codebooks discussed in remark

2, since it mostly captures the directions of the users’ channels.

5.4. Summary and Conclusion

In this chapter, we have investigated a hybrid precoding method for multicasting with
a limited number of RF chains. We have proposed a low complexity search algorithm
to determine the RF precoder and validated its near optimality in terms of max-min
rate. The low complexity algorithm can also be applied to finite-resolution phase shifter
network. For limited scattering channels, we proved a simple condition under which the
hybrid precoding incurs no loss of optimality with respect to the fully digital precoding
case. Finally, the hybrid precoding in multi-group/cell multicasting is intriguing and is

left for future work.
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6. Conclusion and Future work

6.1. Conclusion

This thesis proposed a set of novel transmission strategies and beamforming designs to
deal with various imperfect CSIT. We mainly analysed the rate performance of the pro-
posed transmission strategies and addressed the associated precoding design and power
allocation optimisation problems. Compared with the conventional baselines, the pro-
posed schemes make better use of the imperfect CSIT and achieve significant rate gain.

In Chapter 2, we considered a two-user MISO broadcast channel with statistical and
delayed CSIT. In highly correlated channels and at low SNR, we observed that the con-
ventional transmission strategies employing both statistical and delayed CSIT still under-
perform some strategies driven by statistical CSIT only. Namely, the statistical CSIT is
not fully exploited. To address this issue, we developed a novel and integrated transmis-
sion strategy which enables sum rate beyond that achievable with either statistical CSIT
strategies or delayed CSIT strategies at any SNR, in arbitrary correlation conditions.

In Chapter 3, we considered a multiuser massive MIMO system with partial and statisti-
cal CSIT. The conventional works clustered users into group according to statistical CSIT
while serving users in each group based on partial CSIT. However, the rate performance
is still subject to inter-group and intra-group interference and therefore highly degraded.
Inspired by the idea of RS, we proposed a novel and general framework Hierarchical RS
to well tackle the inter-group and intra-group interference.

In Chapter 4, we considered a multiuser mmWave MIMO system with hybrid precod-
ing under statistical and quantised CSIT. With limited feedback, we leveraged statistical
CSIT to design digital precoder for interference mitigation while all feedback overhead is
reserved for precise analog beamforming. The proposed precoding scheme yields sum rate
gain over the conventional schemes in mmWave sparse channels. Moreover, we introduced
RS to further overcome multiuser interference. It showed that RS enables remarkable sav-
ing in both channel training and feedback overhead compared with conventional multiuser
transmission strategies.

In Chapter 5, we considered physical layer multicasting with hybrid precoding driven
by a limited number of RF chains. We developed a low complexity algorithm to compute
the RF precoder that achieves near-optimal max-min performance. Moreover, we derive
a simple condition under which the hybrid precoding driven by a limited number of RF

chains incurs no loss of optimality with respect to the fully digital precoding case.

109



6.2. Future Work

In conclusion of this thesis, some future research directions are pointed out.

e Rate Splitting for Multi-Cell Downlink Massive MIMO

The work in this thesis focused mainly on single-cell downlink system in FDD mode
(i.e., channel imperfectness comes from limited feedback). Consider the downlink
of a TDD multi-cell massive MIMO system, where the CSIT acquisition model
includes the effects of channel estimation error and pilot contamination. A system
metric of considerable interest is to maximise the minimum achievable rate (max-
min fairness) across all users or to minimise the weighted transmit power under QoS
constraint. In these setups, prior works [96,97] developed efficient precoding and
power allocation schemes to optimise the system metrics. Yet, the resulting system
performance is severely degraded by multi-cell interference. The idea of RS can be
applied to overcome the multi-cell interference, achieving gains over conventional
baselines [96,97]. An interesting problem is to investigate how the power splitting
ratio between the common and private messages varies with pilot length, number
of cells, SNR, etc. A closed-form analysis is attainable owing to channel hardening

effect in the large-scale antenna array regime.

e Hybrid Precoding vs. Spatial Modulation

To alleviate the requirement of multiple transmit RF chains in MIMO systems,
Spatial Modulation (SM) is a recently proposed technique using single RF chain [98].
In SM, the information is mapped into a constellation point in signal domain (i.e.,
a PSK/QAM symbol of size @) and a constellation point in spatial domain (i.e.,
the index of the active transmit antenna of size M). Therefore, the information bits
conveyed in one channel use is logy () +1ogy M. The system metric of interest is bit
error rate (BER) or symbol error probability (SEP). By contrast, all (M) transmit
antennas and single RF chain can be interconnected by phase shifter network and
thus used to achieve array gain by analog precoding. SM and precoding techniques
may show superiority to each other in different regime of M, channel conditions and
SNR. Moreover, this comparison can be extended to multiple (V) RF chains scenario
(ie., 1 < N < M) [99], where a generalised SM (GSM) is proposed to convey
logy @ + log, (A]\/,[) bits. Alternatively, a hybrid precoding structure can make use of
all M transmit antennas and N RF chains. Further extensions can be considered
in multiuser [100] and massive MIMO setups [101].

e Rate Splitting for Multi-Group Multicasting with Hybrid Precoding
With limited RF chains, the work in this thesis studied the hybrid precoding de-

sign for (single-group) multicasting. It is certainly worth the effort to generalise

110



to multi-group multicasting. When the number of users served exceeds the num-
ber of RF chains, inter-group interference dominates the system performance (i.e.,
QoS constrained power or power constrained max-min fairness). In this case, RS
comes into play. The associated hybrid precoding design and optimal power allo-
cation problems require careful investigation. Prior work relevant to this problem
but with fully digital precoding was reported in [4]. Some insightful/closed-form
solutions might be obtained in mmWave sparse channels, massive MIMO [66]. An
interesting extension lies in spatially correlated channels, where the second-order

channel statistics help manage inter-group interference.
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A. Proofs for Chapter 2

A.1. Lemma

Consider a non-zero vector w € CM and h = R'/2h,,, where R € ®pp is a M x M

Hermitian matrix. Then,
E [ln(|hHw\2)} =1In (WHRW) -7, (A1)

where 7 is the Euler constant.

Proof. Define X 2 R2ww!R'/2 and decompose it as X = UxAxU%. Due to rank(X)
= 1, the diagonal matrix Ay has only one (e.g., m-th) non-zero entry, denoted by Ay.
We get

A = tr(Ax) @ tr(X) Y wHRw. (A.2)

where, equalities (a) and (b) can be easily obtained by applying tr(AB) = tr(BA). Then

E[In(h7wf?)] = E[ln(thl/waHRl/Zhwﬂ (A.3)
L E[in (b2 Axh,)] (A.4)
= E[In (Ax|hwml?)], (A.5)

where < indicates the equivalence in distribution and (A.5) is calculated with the non-zero
element in Ay. Then, (A.1) can be obtained following (A.2) and |hy m|* ~ Exp(1). O

A.2. Lemma

Suppose x,y are two random variables. E(y) # 0, let f(z,y) = 5 and p = (E(x),E(y)) =

(ftz, fty). The first order approximation of the expectation of f(z,y) can be written as

o (90) _ e O(Var(}’)ﬂm B COV(va)>. (A.6)

y Ly I It

Proof. The closed-form of E(%) is unknown, however, it can be calculated via bivariate
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Taylor expansion at u

Ha = n:u’$'7T,n+7T,n
E(f(z,y) = ~“+ ) (F1)"=—ng =", (A7)
Fy n=1 Hy

where 7, ; = E[(x — p1z)" - (y — py)?]. Take the first order approximation of (A.7) and
(A.6) is obtained. Similar results were derived in an alternative manner [102]. However,
it is difficult to calculate the high-order terms in (A.7) so that the first and second
order approximations were used in [103]. It is assumed here that E(]) is bounded and
its Taylor expansion converges. Moreover, if x,y are mutually independent nonnegative
random variables, the first order approximation is a lower bound, i.e., ]E(%) > Z—z O

A.3. Proof of Theorem 2.1

The proof relies on deriving a lower bound on the achievable ergodic sum rate. According

to (2.4), we can rewrite the ergodic sum rate as

plhH w2 plg"al?
Reum = E[IO (1‘*‘7)} +]E|:10 <1+ ):|
22U T A gp? 2T T plgfwp

— B[log, (1+exp (In (m»)] +E[log, (He}{p(m(m)))}

> log, [1+exp (E (In (ol w[?)) —E (in (1+pln"a?)) )| +
log, [1 + exp <E (1n (p|qu]2)) —E (ln (1 + p|gHW|2)) )}

() pwi R ,w pa’Rsq
~ log, (14 2 —aW 14 P4 24
062 < - quRAq> - < T owiR,w

) wiR,wq”"Rzq
0 )
82 wiAR;w q’R,q

—
Ve

(A.8)

Since logy(1 4 re®) is convex in = for r >0, we can obtain (a) with Jensen’s inequality.
At high SNR, (b) can be asymptotically approximated by first dropping ‘1 4+’ in the paren-
theses and applying Lemma A.1. The tightness of (b) has been shown in the asymptotic
regime (M — o) [32]. Moreover, the lower bound in (c¢) is tight in high-correlated system
with proper beamforming vectors. Interestingly, a recent work [104] independently proved
that Rsum can be well approximated by (b) in massive MIMO system.

With (¢) at hand, we can transform the optimisation problem into

wiR ,w qHRBq> 7 (A.9)

R 210
sum,lb g2 WHRBW qHRAq

max
Iwll=L[[qll=1

for which the generalised eigenvector structure is the optimal solution [105], as shown in eq.

(2.6). w corresponds to the dominant eigenvector of R;'R, while q corresponds to the

124



weakest one. The corresponding ergodic sum rate satisfies Rgym 1, = logy (X(REIRA)).
Both R;'R, and R; 'R are positive definite, since R,,R5z € ®pp and (RglRA)_l =
R,'R;. It is easy to find that X(RglRB) = X(RglRA) and thereby we can obtain
Theorem 2.1.

A.4. Proof of Proposition 2.1

We can lower bound the mutual information in (2.11) applying Minkowski Determinant
Theorem [106]

I, = logydet(Iaxo + pM) (A.10)
2
> log, (1+pdet(M)1/2) (A.11)
1
= 2log, [1+pexp (andet(M))}, (A.12)
where

M £ HYK'H (A.13)

hal o ] [nfwW
_ WHthHgl} o] L (A.14)

0 ‘h31’2 21 W
= Gy AGH, (A.15)

By applying the convexity of log,(1 4+ re®),r > 0 and Jensen’s inequality, the ergodic

rate of user A per slot can be lower bounded as

R, > %E{ log, [1 + pexp (% In det(M))} } (A.16)
> glogQ [1 + pexp (%]E[ln det(M)])}, (A.17)

where E[lndet(M)] = E[lndet(A)] + E[lndet(GGH)]. The first term can be further

calculated with equations in [107]

2
Ellndet(A)] = E[ln(%)]ﬂ[«:[ln(\hm\?ﬂ (A.18)
= eEi(-1) -2y, (A.19)

where (A.19) is obtained by using the fact that |hj;,|? ~ Exp(1). In general, it is nontrivial
to evaluate the second term. A special case lies in i.i.d Rayleigh fading channel where
E[ln det(GGH)] can be exactly solved by invoking central Wishart distribution [108]. For

spatially correlated channel, we use Jensen’s inequality to upper bound the second term
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as

E[Indet(GG)] < InE[det(GG™)]

—
S
=

In [E(bfWW7h, g/ WW¥ g — hf WW g g/ WW"h,)]

—
S
=

In [E(hfWWh))E(g! WW¥g;)—E(h{ WW"g g/ WW"h,)]

—

Cc

9 1n(0,), (A.20)

~

where O, is defined in (2.13). Eq. (a) is obtained with det(AB) = det(A)det(B) for
equal-size square matrices A, B. Eq. (b) is because h; and g; are independent Gaussian
random vectors. With tr(AB) = tr(BA), E[tr(C)] = tr[E(C)], eq. (c) can be easily
calculated. Finally, substituting (A.19) and (A.20) into (A.17) renders an analytical

approximation of the ergodic rate of user A and hence completes the proof.

A.5. Proof of Proposition 2.2

For arbitrary M and wo, it is easy to verify that wf M(wy)wy = 0, i.e., M(wy)w; €
Null(wz). The maximisation of © ,(w1) = wil M(wy) w; leads to the observation that
the optimum w; € Null(wg). Similarly, when we fix w; and update wg, we have the
optimum wy € Null(wy). It implies that the optimal beamforming vectors are always
orthogonally chosen (w; L wg). For the special M = 2 case, since wy is uniquely defined
in Null(wy) and vice versa, any two beamforming vectors constituting a unitary matrix
are optimal. Moreover, eq. (2.13) becomes constant O, = tr(R,)tr(Rz) — tr(R,R5p).

A.6. Proof of Proposition 2.3

Define M £ INI{{ K‘lﬁlPi and with simple manipulations, we have

1 Ps|ho1 |? H

= 0 hi'W
M = [Win,WH k1 k2 ! P? A.21
[ 1 g1 0 P8|£§,1|2] [g{{W A ( )
= G,.I'GI P2 (A.22)

Rewrite (2.25) as

Rs, = E[logydet (Iax2 + M)] (A.23)
= E[logy (14 tr(M) + det(M))] (A.24)
< logy[l + E (tr (M)) + E (det (M))]. (A.25)

Eq. (A.23) is obtained with det(I + AB) = det(I + BA) while (A.24) makes use of
the Cayley-Hamilton theorem. Then, we upper bound (A.24) by (A.25) using Jensen’s
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inequality. With the help of (A.22) and E[tr(-)] = tr[E(-)], the first term in (A.25) can be

characterised as

Eftr(M)] = tr[(E(T11) W/R,W +E (T's) W/R,W) P?] (A.26)
N Oar (Tar Py A TaoPo) + 042 (A1 P+ Ao Ps) (A.27)

where A\, = WfIRBwl, A2 = W?RBW%T/U = W{{RAWL Tas = WgIRAWQ and

E () = E(l + P5|h21|2>, E(T92) = E<P8|h31|2). (A.28)

]{71 k’g k3

The terms on the right hand side of (A.28) can be further evaluated as follows

1 1 (a) 1 1
El—)=F > = A.29
(k:l) <1+|h{IQPBy2> T 1+ E(hQP,?) 14+ AuPs+ AP (4.29)

P 2 hf,Ah, b A P
E (5‘h21‘ ) —E 280wz ) @) t(A) g (A.30)
ko 1+h, ,Bhy» 1+tr(B) 14 P+ 7asPs + AasP;

where A4y = qi'R4q1, Ao = ¥/ Raqo, 745 = Wi R, w3, M\ = g Raqs. Inequality (a)
comes from the fact that % is convex in z for x > 0. Note that (A.29) can be exactly calcu-
lated as an exponential integral function of A 4, P;, A4, P,. Nevertheless, such implicit char-
acterisation restrains insightful analysis of the power allocation strategy (for instance, how
the power assigned to signal of user B interferes user A). In (A.30), A = PSR}L,/lele‘(Ri/2
where x; = [1, 0]” and B = Rim(Pg,xlx{I + Pywywil + P7q1q{{)R1‘/2. Inequality (b) is
based on the first order approximation in (A.6). The second (and higher) order approx-
imation would be more accurate, however, rendering the problem too complicated to

implement optimisation techniques!. Similarly, we can approximate E (I'yo) as

Pyl hg, |2 hl.Ch p
() g ([ MiCho ) wO) R
3 1 + hw’gth’?) ]. + tl“(D) 1 + TABPQ + )\A3P10

D= Ri/z(Pgwlw{{ + Ploqlqllq)Ri/2 and C = PgRimxlx{IRi/z. The second term in
(A.25) can be given by

E [det (M)] = E [det (T)] - E [det (é éH)} ‘E [det (P2)] ~ 01,00, PP, (A.32)

where calculation of E[det(G G)] follows (a), (b), (¢) of eq. (A.20). Substituting (A.29)
~ (A.31) into (A.26), we can obtain (A.27). Combining (A.27) and (A.32) with (A.25)

'For instance, it is difficult to compute the first/second order derivatives of the objective function which
are necessary for various non-linear programming methods.
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establishes (2.28). In order to compute RE,, we can reexpress (2.27) as

Ps|hifws|? Py|hf ws|?
RY :E[lo (1+ Qi )}+E[1o (1+3—)]A.33
4 52 1+P5|h21|2+P7|h£{q3|2 52 1+P10|h§{q3|2 ( )
PhH 2 PhH 2
< togy [1+E( AW ] o [1 4+ B (Y] (431
1+P5|h21‘2+P7|h2q3|2 1+P10’h3Q3|2
TasPs Tas Py
o (16— P g (14 TP A
082 Jr1+P5+)\A3P7 + 108 +1+)\A3P10 ( )

An analytical expression of (A.33) was obtained for the case M = 2 in [6], while a lower
bound for M > 2 case is derived in section 2.2. We here use Jensen’s inequality and (A.6)

in Lemma A.2 to estimate (A.33), leading to an approximation (A.34) as well as (2.28).

A.7. Proof of Theorem 2.2

At high SNR, problem (2.35) can be rewritten as

(a) Tasz P,
T{n]%i( Roum =~ 10g2 (5A15A2®AP1P2) + 10g2 (531532®BP3P4) + 10g2 <1 + ﬁ)
Tas Py TpsPr TrsPio
oy (14 —2P Y gy (14 TP ) g (14 P
I SIS VY A D VY 20 A S I Ry 23
st. P.—3P=0,P>0 i=1,...,10 (A.36)

where (’g comes from the fact that the last terms in (2.28) and (2.30) are dominant at

high SNR. Based on KKT necessary conditions, there exist multipliers A and p1, uo such
that
VRsum(Pl) = >\(1 + )\BIPS) + 11
V Rsum (P2) = M1+ Apo Bs) + pi2 (A.37)
,U,1P1:O, U2P2:Oa

where P, # 0, P, # 0, otherwise DoF loss occurs due to Rs, = 0. Therefore, we have
w1 = p2 = 0 and the first equation in (2.36) can be computed from (A.37). Likewise, the

second equation can be obtained.
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B. Proofs for Chapter 3

B.1. Proof of Proposition 3.1

By dividing the objective function of (3.10) by M? and plugging (3.9) into (3.10), the
problem P1 is equivalently transformed to P2

P2 max mkin e (1 —77) - ap (B.1)
a
1
b)Y ap =~ B.2
S k U = 37 (B.2)

From [66, Lemma 2], the optimal solution of problem P2 is obtained when all terms
are equal, i.e., mp (1 —77) a2 = m; (1—172) ~a§, Vk # j and the optimal {a}} are given by

(3.11). :

B.2. Proof of Proposition 3.2

When % (f")2 T3 > 1, the equality in (3.22) is nearly established, i.e., the private
messages of RS achieve approximately the same sum rate as the conventional No-RS
with full power. The power splitting ratio ¢ is then designed as % (5")2 170, = K, ie.,
t = K/(P Y38 /¥°). The rationale behind this design is two-fold. On the one hand, the
number of users K is generally much larger than 1, which leads to an asymptotically tight
approximation. On the other hand, the achievable rate of the common message decreases
as K increases due to minimum constraint. This effect can be observed via n = M/K in
the asymptotic SINR“°. Then, the power allocated to the common message P(1—t) should
be reduced as K becomes larger. Otherwise, suppose P(1 —t) is constant independent of
K. As K increases in (3.23), the achievable rate of the common message log,(1+SINR“?)
cannot compensate the loss Zle (log2(1 + SINR%O) — log, (1 + SINRkRZF’O)) incurred
from the above approximation. Moreover, € in (3.14) can be approximated by 72 and the
approximation is tight when mj is large. Thus, t = K/(PT), where T'y = (Y 77)/9°.
To establish the equality (3.22) for Vk, the power splitting ratio ¢ is chosen as the largest
one. We then obtain (3.24) by truncating ¢ at 1 wherever applicable.

At low SNR, ¢t = 1 from (3.24) turns RS into No-RS and leads to AR®%° = 0. Namely,
transmitting multiple private messages is operated in the non-interference limited SNR

regime and thereby a common message is unnecessary. At high SNR, ¢t < 1 indicates
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that we transmit a common message with remaining power beyond the saturation of the
private message transmission. Due to power reduction to the private messages, we first

upper bound the rate loss

K
s
RZFo _ pRSo  _ _
REZFe _ Rl ; (108, (1+ 1) o (1 5 1)) (B.3)
K 1
= ) (logy(S + Py + 1) —logy(S + PTy, + ) (B.4)
k=1
1
+ logy(PTy + ;) — logy(PTy + 1)) (B.5)
@ & 1
< ¥ <log2(PFk + ) — log,(PT, + 1)) (B.6)
k=1
0 X 1 1
< —) - —_— :
< ;(bgz(H 7o) ~loga(1+ PFk)) (B.7)
(c)
< Klogy(1+1/K) (B.8)
(d)
< logy(e), (B.9)

where § = £ (£°)> ®y. (a) is obtained since 1/t > 1,V¢ € (0, 1]. By replacing t = K/(PT)
with T’ = mkin {T'x} by t = K/(PT}), (a) is lower bounded as (b). Removing logs(1+ PLF;)’
we have (c) which is tight at high SNR. (d) is obtained since K log,(1+1/K) € [1,log,(e))
is an increasing function of K for K > 1. By plugging (d) into (3.23), we obtain (3.25).

B.3. Proof of Proposition 3.3

The inter-group interference is captured by term f_{gl = BlH R,B;, Vg # . Firstly, we
consider the weak inter-group interference case, i.e., f{gl ~ Oy and further T;l ~
0, Vg # [, i.e., the inter-group interference is sufficiently small and therefore can be
negligible. The sum rate of the private messages transmission is limited by intra-group
interference. Based on (3.35) to (3.37) and (3.43), the outer common message suffers from
more interference while contributing less rate than the inner common messages, since the
achievable rate of the outer common message has a pre-log factor of 1 which is smaller
than that of the inner common messages (G > 1). The optimal S that maximises the
sum rate of HRS (3.43) is 8 = 1. Then, (3.37) and (3.44) become
P (¢0)2
SINRITPe = ?2(59 )2 (B.10)
(€5) 5482 + 1

ag%(gg)Q(pg

SINRP® — . :
Qg (55) T5,8 +1

Substituting (B.10) into (3.46), the equality is approximately established given that
Ozg(&;)QT;gQg > 1. Following a similar philosophy of ¢ in Proof of Proposition 3.2, the
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intra-group power splitting ratio is designed as oy = K4/ (({Q)QTO ) Otherwise, as
K increases, the achievable rate of the inner common message logy(1 + SINR®) cannot

compensate the loss K (logy(1 +SINRE?) —log,(1 +SINR§TP °)) incurred from the above
approximation. Based on (3.38) to (3.42), oy is determined by

PK, tr (Rgg?gﬁgng)
K tr(Rgng) -

o 2 [¢]
(65) " TouQ = (B.11)
In order to obtain a more insightful understanding of the effects of system parameters,
we consider a high SNR approximation of (B.11). At high SNR (e ~ 0), the RZF matrix
in (3.33) converges to the ZF matrix. From [7, Theorem 3], T in (3.42) becomes

K R -1 K R -1

T,= (2% 41, ~ [ =299 , (B.12)
g o g o
by mg by mg

where Ry, is a diagonal matrix from (3.32). Since By lies in the dominant eigenmodes of
R, the diagonal elements of Rgg are much larger than 1 and therefore the approximation

n (B.12) is feasible. Moreover, we have Qg ~ KK 72 due to the fact m{ > 1 in the
asymptotic M regime. Plugging (B.12) into (B.11) leads to (gg) Yo 8 ~ %ig((ls_ll)) 7’3.

r\Rgg
Since « is applied to all groups, we choose the largest one to guarantee (3.46)

_ K 7y bg(Ky — 1)
a_P'FI(f INTeE mln{K tr(R ) } (B.13)

Secondly, consider the case with Z#g(ff)zT;l > (§;)2T;g. Since 4 < 1 from (3.39),
the sum rate of the private messages based on (3.44) is dominated by inter-group inter-
ference. Substituting (3.37), (3.44) into (3.46), the equality is approximately established
when 83, (ff)Q Ty, + Ba(fg)QT;gQg > 1 and a = 1. Following a similar philosophy
of ¢t in Proof of Proposition 3.2, the inter-group power splitting ratio can be designed as
By = K/(Zl;ﬁg(fz 2T°l + (£)°15,Qy). However, we adopt a conservative design of f,

as
K K
ﬁg = N2 o > N2 ~o 2o ’ (B14)
Dzg (&) Yo+ Ky 3o, (67)7 Yo+ (69) Ty

which is due to the fact that (£9)*T, €, > K, at high SNR (interference regime). The

rationale behind this conservative design is two-fold. Larger § is more capable to main-

tain (3.46). Furthermore, it enables a distributed design of power allocation, i.e., 3 is
determined only by the long-term inter-group interference. By plugging (3.38) to (3.40)
and (B.12) into (B.14) and denoting /5 as the largest 34, we have

K : Ky tr(Rg Ry, )}
S Vs ik L/ A B.15
B P Toq+ K, oG mgln{%K (R, ) (B.15)
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Since 0 < «, 8 < 1, we assume implicitly that Va, 5 > 1 is truncated at 1 wherever

applicable.

B.4. Proof of Corollary 3.1

We here provide a sketch proof, since it follows a similar philosophy of ART%° in Proof

of Proposition 3.2. In the weak inter-group interference regime, § = 1 from (3.47). We
first upper bound the rate loss RELPe — Rf RS at high SNR by

TTP,0 HRS,0
Rsum - Rp

<

<

G

Sy Sy
;Kg(logQ (1+ T, + 1) —log, (1 + T+ é)) (B.16)
G
D Kglogy(1 4 1/K,) (B.17)
g=1
Glogy(e), (B.18)

where S, = %(f;)Q(I)g and I'y = (f;)zT;gQg. The sum rate gain ARFES° is lower

bounded as (3.50).
bounded as

TTP,o HRS,o
Rsum - Rp

IN

<

In the strong inter-group interference regime, the rate loss is upper

3 K, (log, (1+ —20 log, (1 4 — B.19
QZI 9<°g2(+rg+1)_°g2(+rg+é)> (B.19)
G

> Kylogy(l + 1/K) (B.20)
=1

.gf(logz(l +1/K) (B.21)
logs(e), (B.22)

where I'y = 7, (§l°)2 1o, + (53)2T2gﬂg. Then, the sum rate gain is lower bounded as

(3.51).
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C. Proofs for Chapter 4

C.1. Proof of Proposition 4.1

Let us first consider the non-overlapping case, i.e., ||dy + djllo = 2L,Vj # k. Given
DFT codebook and B = logy(M), the RF beamformer of user k in (4.7) that maximises
the signal power is given by f;, = e ;. Then, we have F = [e11,--- ,ek 1] and Ry eg =
FPR,F = diag{1;}. A straightforward calculation of (4.11) gives wy = w} = 1. Noting
that hy = \/% Zle gk, €k, the achievable rate of user k is thus given by

plh/ |
R = logy 1+ (C.1)
2( 1+sz¢k|thfj\2)
M
= log, (1 + Pf|9k,1|2)7 (C.2)

which is obtained by the fact that f; = e;; L e}, Vk # j in the non-overlapped scenario.
Secondly, we consider the fully overlapped case where all users share the identical
steering vectors set {€;} and therefore the same channel covariance matrix Ry = R =
% Zle elefl. Without loss of generality, we have f, € ej=1,... 1 with fi # f;,; from
(4.7) and Ry e = FAR,F = %IK. It can also be obtained that wj, = wj = 1;. Noting
that hy, = \/%Ele gk, ek, with Vey; € e;, the achievable rate of user k is given by

plhyfy|?
By = logy (1+ ) (C.3)
L4+pd ik by £
M| 2
= log, (1 + 7 PL 19k 2), (C.4)
L+ 2w |9k 1,21

where f; corresponds to ey ;. Then, (C.4) can be further lower bounded by (4.17) and
the equality follows L = K.

C.2. Proof of Proposition 4.3

The average sum rate of RS can be written as

K
E(RES,) =E(R°) + Y E(RY). (C.5)
k=1
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We first compute the average rate of the private message intended to user k as

E(R}) = E[log, (1+ ng:ii:g;wg)} (C.6)
— B[log, (14 exp (1n WAL )] 1)

L+ 37, 25, Py [h Fwy|?

> logy |1+ exp (Eln(Pk W Fw,?) ~Eln(1+ Y P, |thij|2))} (C.8)
ik
> log, 1+ exp <IE In(Py |hf Fwy|?) — In(1 + Z P; W;IRk@ﬁ'Wj))] (C.9)
j#k
= logy _1 + exp (ln(Pk WkHRk’eﬂ‘Wk) —v—In(1+ Z P; W;-r{RheﬂWj))( .10)
J#k

eV DhwHR, ow
K Tk ke Tk ) (C.11)

L+ % Zj;ék Wquk,efij

where (C.8) is due to the convexity of logy(1+4€”) in « while (C.9) is obtained by applying
Jensen’s inequality. Define the rank one matrix Xj = Af kawf F7 A, and decompose
it as X; = UpAyUZ. Then, we have |h#Fwy|? = gl X, £ g Argr = \ilgkml?,
where < indicates the equivalence in distribution and Ay is the only non-zero entry of Ay.
Since |ggm|? ~ Exp(1) and A\, = tr(Ay) = tr(Xg) = WH Ry Wy, we can obtain (C.10)
by E[ln(gi’Xygx)] = In(wH Ry, cgwy) — 7, where 7 is the Euler constant.

A direct calculation of E(R®) = E[m}jn (Rj)] is technically challenging due to the
requirement of the distributions of Rf and further mkin (Rf). We assume that E[mkln (Ry)]
can be well approximated by mkin E(Rf). By following a similar derivation, we can

compute the average rate of the common message seen by user k as

P. b Fw,|? )}
K

1+ Zj:l Pj ‘thWJ‘Z

e V- P(1—1) WthegWC)

Pt ~K _H ,
I+ % ijl Wi Ry eiW

E(RS) = ]E[log2 (1 +

> log, (1 + (C.12)

Finally, combining (C.11) and (C.12) completes the proof. Moreover, the effectiveness
of Proposition 3 is also supported by [109, Lemma 1]. It states that if X = >, @,
Y = >702, y; with random variables z;,y; € Rxo, we get Ellogy(1 + X/Y)] = logy[l +
E(X)/E(Y)] and the approximation error decreases as the number of random variables
n1 and no increases. It provides a useful reference calculation of the average rate which
can be well approximated by E[logy(1 + S/I)] =~ logy[l + E(S)/E(I)], where S and I
represent the signal power and interference plus noise, respectively. Indeed, this average
rate approximation is lower bounded by logsy[1+ e YE(S)/E(I)] derived in Proposition 3,

where e™7 ~ 0.56.
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